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ABSTRACT 

Temporal resolution of cochlear output channels in normal and hearing-
impaired listeners was examined. Performance-intensity functions for word 
recognition were obtained in competing continuous and interrupted broadband 
noise as a function of signal-to-noise ratio (S/N). In the first experiment, normal-
hearing listeners were investigated with and without a simulated high-frequency 
hearing loss (i.e., lowpass filtering at 2000 Hz). Word recognition improved with 
increasing S/N and was greater in the interrupted compared to the continuous 
noise. Performance was inferior with the simulated high-frequency hearing 
loss, relative to unfiltered listening, only in the interrupted noise condition. It 
was hypothesized that this performance deficit rejected a reduced ability to 
temporally resolve auditory information between the bursts of noise as a 
consequence of reduced available auditory bandwidth. The effect of sensation 
level (30 vs. 50 dB) on performance in the same paradigm was explored in the 
second study. An effect of presentation level on word recognition performance 
was found in only the interrupted noise. Performance was superior at 50 dB SL. 
These findings suggest different processes underlying word recognition under 
the two maskers: spectral audibility vs. temporal masking in the continuous and 
interrupted noise, respectively. In the third experiment performance was 
compared between young normal-hearing (YNH), cognitively-intact older 
normal-hearing (ONH), and aged-matcried presbycusic listeners (OHI). The 
YNH group's performance was superior, followed by the ONH and OHI for both 
noise conditions. It was speculated that :he differences in performance were a 
consequence of either reduced auditory bandwidth available to the older 
participants, inherent peripheral or central distortion in the older auditory 
system, nonauditory central efiects and/or an interaction of these eftects. A 
fourth experiment, revealing that normal-hearing listeners performance in 
continuous and interrupted noise was not worse with a simulated high 
frequency hearing loss (i.e., lowpass filtering at 4000 Hz) vs. without, 
diminished the appeal of the first suggestion. It is suggested that the 
dichotomization of young versus old and normal-hearing versus nearing-
impaired, albeit convenient and sensible, is likely oversimplified and possibly 
misleading. The relationship that one may envision is a progressive 
deterioration of auditory threshold and suprathreshold processing with age. 
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I I 

Temporal Resolution of Cochlear Output Channels 

in Normal and Hearing-Impaired Listeners 

Introduction 

A common clinical complaint from individuals suffering with 

sensorineural hearing loss is an inability to understand speech in demanding 

listening situations of noise and/or reverberation. This handicap has been 

repeatedly demonstrated in experimental studies (Carhart & Tillman, 1970; 

Dreschler & Plomp, 1985; Festen & PlomD, 1983; Finitzo-Hieber & Tillman, 

1978; Gelfand & Hochberg, 1976; Gelfand & Silverman, 1979; Moncur & Dirks, 

1967; Nabelek & Mason, 1981; Nabelek & Pickett, 1974; Yacullo & Hawkins, 

1987). Plomp (1978) broadly attributes the effects of cochlear pathology on 

speech intelligibi'ity to attenuation (i.e., threshold elevation) and suprathreshold 

distortion of the speech signal (i.e., intensity, frequency, and/or temporal 

information subjected to distorted processing). In other words, the cause of 

hearing-impaired individuals' poor speech intelligibility performance in these 

adverse listening situations is impoverished frequency and temporal resolution, 

secondary to threshold elevation and loudness recruitment, in the impaired 

cochlea (Humes, 1982; Moore, 1985; Van Tasell, 1993). 

Frequency Resolution in the Normal and Impaired Auditory System 

Frequency resolution or selectivity refers to the ability of a listener to 

resolve/separate spectral or sinusoidal components of complex sounds 

(Humes, 1982; Moore, 1989). Numerous paradigms have been utilized to 

demonstrate the frequency resolving capacities in normal and impaired ears: 

masking patterns revealed with pure-tones and noiseband maskers (e.g., 

Fletcher, 1940; Jerger, Tillman, & Peterson, 1960; Houtgast, 1977; Nelson, 

1 
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2 

1991' Patterson, 1976; Pick, Evans, & Wilson, 1977; Rittmanic, 1962; Zwicker, 

1954), loudness summation (e.g., Martin, 1974; Scharf & Heilman, 1966; 

Zwicker, Flottorp, & Stevens, 1957; Zwicker & Scharf, 1965), psychophysical 

tuning curves (e.g., Glasberg & Moore, 1986; Vogten, 1974; Wightman, McGee, 

& Krammer, 1977; Zwicker & Schorn, 1978 ), and formant masking (e.g., 

Danaher, Osberger, Pickett, 1973; Danaher& Pickett, 1975; Van Tasell, 1980) 

The phenomena observed in these studies have led researchers to describe 

the peripheral auditory system as containing a series of bandpass filters with 

continuously overlapping center frequencies. The basilar membrane of the 

cochlea is believed to be the basis for the auditory filters (Moore, 1986. Pickles, 

1988). Wnen attending to a signal in noise it is assumed that the listeners 

utilizes an auditory filter with a center frequency close to the signal The filter 

passes the signal and comoonents of the noise within its bandwidth and rejects 

all other components of the noise background. 

The "critical bandwidth" of the auditory filter, first coined by Fletcher 

(1940), is the range in frequency between the two upper and lower cutoff 

frequencies where the output of the filter has fallen 3 decibels (dB) relative to 

the bandpass. It is now generally accepted that the auditory filters are highly 

tuned and that their shape is reasonably symmetrical at moderate intensity 

levels (e.g., see Moore, 1989)1. The auditory filters have steep skirts and are 

rounded at the tops; however, at high intensity levels, asymmetry becomes 

evident as the low-frequency side becomes shallower. At frequencies below 

1000 Hz the auditory filter shapes are asymmetrical with the upper skirts being 

steeper than the lower skirts and as, with higher frequency auditory filters, the 

asymmetry tends to become greater at higher intensity levels (Moore, Peters, & 

Glasberg, 1990). Equivalent rectangular bandwidths of auditory filters decrease 

with decreasing frequency ,A'ith young normal listeners at moderate sound 
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levels, for frequencies of 100, 400, 1000, 2000, 4000, and 8000 Hz, equivalent 

rectangular bandwidths are approximately 36, 87,130, 240, 500, and 1175 Hz, 

respectively (Moore, 1989; Moore & Glasberg, 1983, Moore et al.). 

It is well established that the impaired cochlea is characterized by 

insensitive broad auditory filters. The consequence of these broad auditory 

filters is a loss of audibility and reduced frequency resolution at low stimulus 

intensities (Bonding, 1979; DreschlerS Festen, 1986; Florentine, Buus, Scharf, 

& Zwicker, 1980; Glasberg & Moore, 1986; Nelson, 1991; Patterson, Nimmo-

Smith, Weber, & M'ircy, 1982; Stone & Moore, 1992; Tyler, Summerfield, Wood, 

Fernandes, 1982; Zwicker & Schom, 1978). The perceptual consequences of 

an absence of normal sharp frequency tuning curves/reduced frequency 

resolution are threefold (Moore, '989). First, is an augmented susceptibility to 

interference from noise. That is, a broadened auditory filter passes more noise 

components making detection of the signal more difficult. Second, is an 

impaired ability to separate two or more signals occurring simultaneously 

independent of background noise. Finally, the absence of normal sharp 

frequency tuning curves underlies an inability to resolve spectral peaks and 

valleys in auditory signals. Understandably, a positive correlation between 

frequency resolution as reflected on psychophysical tasks and speech 

recognition task performance has been documented (Arlinger & Dryselius, 

1990; Dreschier & Plomp, 1980, 1985; Festen & Plomp, 1983; Preminger & 

Wiley, 1985; Thibodeau & Van Tasell, 1987). There are questions, however, 

regarding the independence of the relationship between hearing threshold 

level on one hand and between hearing threshold level and speech 

understanding on the other. 
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Temporal Resolution in the Normal Auditory System 

Temporal resolution refers to the ability of a listener to resolve/separate 

aud'tory events or detect changes in auditory stimuli over time (Humes, 1982: 

Moore, 1989). Fundamentally, the perceptual processes of the detection, 

discrimination, and recognition of auditory events simply taks time (Phillips, 

1995). From the standpoint of auditory perceptual dimensions, which auditory 

temporal phenomena are revealed depends on the psychophysical technique 

employed. Two broad classes of temporal phenomena can be distinguished 

(Green, 1985): temporal acuity (i.e., how fast can the auditory system function) 

and temporal integration (i.e., the time frame over which the auditory system 

averages or sums acoustic information). A number of paradigms have been 

utilized to demonstrate the temporal resolving capacities in normal and 

impaired ears: detection o1 gaps in broadband noise, narrowband noise, and 

sinusoids (e.g., Buus & Florentine, 1985; Fitzgibbons & Wightman, 1982; 

Shailer & Moore, 1983, 1987; Plomp, 1964); discrimination of time-reversed 

signals (e.g., Green, 1973: Ronken, 1970); detection of amplitude changes of 

acoustic stimuli (e.g., Bacon & Viemeister, 1985; Viemeister, 1979); and 

discrimination of signals of Huffman sequences (i.e., signals that have the same 

long term spectra but differ in their short term spectra [ Green, 1973; Patterson & 

Green, 1970]). 

In modeling temporal resolution in the auditory system, numerous 

investigators have embraced the auditory filter described above. Recognition of 

the fact that auditory filters "ring" after the offset of signal input, led researchers 

to believe that temporal resolution should be constrained by auditory response 

time. The fact that the duration of the ringing is inversely proportional to the 

bandwidth of the filter suggests that high-frequency auditory filters' response 

times have to be the more rapid. The predicted temporal resolution, based on 

I 
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the response of the high-frequency auditory filters alone is, however, better than 

the best observed behavioral performance. This realization implied to some 

that there must be a process(s) higher in the auditory system that limits temporal 

resolution. Contemporary models of temporal resolution incorporate this 

concept. 

Rodenburg (1977) and Viemeister (1979) each describe a four stage 

model of temporal resolution. In their models signal input is passed in series 

through a bandpass filter (i.e., the auditory filter), a nonlinear device (i.e., a half 

wave rectifier which passes parts of a waveform; one polarity for example), a 

lowpass filter, and a decision device. Moore (1989, 1993) describes a four 

stage model, as well; however, the second and third stages differ slightly (see 

Figure 1). The first two stages of these models are conceptualized as occurring 

in the cochlea while the latter stages occur after the auditory nerve (8.C.J. 

Moore, personal communication, July 13, 1995). 

Moore's second stage nonlinear device has square-law properties. "The 

instantaneous value of the output is proportional to the square of the 

instantaneous value of the input. This gives a quantity which is always positive 

and which is related to the instantaneous power at the output of the bandpass 

filter" (Moore, 1989, p. 150). Others describe the nonlinearity prior to the 

temporal integrator as compressive in nature based on physiological evidence 

(e.g., Penner & Shiffrin, 1980). The third stage is a temporal integrator whose 

function is to sum 

the energy occurring within a certain time interval or "window". The window 

is assumed to slide in time, so that the output of the temporal integrator is 

like a running average of the input. This has the effect of smoothing rapid 

fluctuations while preserving slower ones. "" ie tempora1 integrator is 

equivalent to the lowpass filter... except that the smoothing is applied to a 



Decision Device 

Temporal Integrator 

Square-law Device 

Bandpass Filter 

STIMULUS 

Retrocochlear 

Cochlear 

Figure 1: Block diagram of the four stage model of temporal resolution from 

Moore (1989). Note. Rodenburg (1977) and Viemeister (1979) 

incorporate a half-wave rectifier and a lowpass filter at the second 

and third stage, respectively. 
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power-like quantity rather than an amplitude like quantity. (Moore, 1993, p. 

125) 

Moore considers the temporal window to have a weighting function defined by a 

mathematical form (namely a rounded-exDonential function). The output of the 

temporal integrator "becomes a weighted sum of the input power, with the 

recently occurring power receiving the greatest weight" (Moore, 1989, p. 154). 

Simply put, stimulus power occurring more recently in time (i.e., close to the 

terminal side of the window) is more important than that occurring earlier in time 

(i.e., towards the leading side of the window). Moore consideis the weighting 

function the temporal domain analog of the auditory filter in the frequency 

domain. Moore arid colleagues (Moore, Glasberg, Plack, & Biswas, 1988; Plack 

& Moore, 1990) refer to the form of the weighting function as the "shape" of the 

temporal window. This shape, determined by examining the combined effects 

of forward and backward masking, is for the most part invariant with center 

frequency. It does, however, increase slightly with decreasing frequency. For 

example, the equivalent rectangular duration for center frequencies of 8100, 

90U, and 300 Hz is 7, 9, and 13 milliseconds (ms), respectively. The equivalent 

rectangular durations also increase with decreasing sound levels (e.g., 10 vs. 7 

ms for 20 and 40 dB masker spectrum level at 2700 Hz). The broader the 

temporal window, the longer the temporal integration or poorer the resolution. 

The window's shape is asymmetrical w'th the times before the center having 

shallower slopes than times after it, reflecting the characteristic above that 

stimulus occurring more recently in time is more important tnan that occurring 

earlier. 

The nature or rules governing the decision device are somewhat 

nebulous. Moore (1989) suggests that the rules employed by the device may 

depend on the nature ot the psychophysical task. For example, it may work with 

I 
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a detection function looking for a stimulus to exceed a certain magnitude or with 

a discrimination function comparing different outputs from the lowpass 

filter/temporal integrator. Although the generation of "decision rules" is possible 

it is, unfortunately, difficult if not impossible to demonstrate that they are actually 

being engaged (Moore). 

In summary, models of temporal resolution proposed by Moore (1989, 

1993), Rodenburg (1977), and Viemeister (1979) are similar: Stimuli pass 

through four stages from the periphery to a central decision mechanism 

whereby some smoothing of the stimuli occurs such that rapid fluctuations are 

Irst while slower ones are sustained. Moore (1993) states '.hat the smoothing 

process almost certainly operates on neural activity, however, "the most widely 

used models are based on smoothing a simple transformation of the stimulus. 

rather than its neural representation. This is done for simplicity and 

mathematical convenience" (p. 124) One limitation to the models is that they 

only account for tasks that necessitate within-channel resolution (i e., within one 

particular frequency channel). There are tasks that have been shown to require 

across-channel comparisons (i.e., across different frequency channels) 

Discrimination of Huffman sequences (Green, 1973; Patterson & Green, 1970) 

and detection of offset asynchrony in multicomponer.t complexes (Zera & 

Green, 1993) are examples of such tasks. Finally, if one considers a four stage 

model it is apparent that temporal resolution may be constrained by four factors 

"the shape and bandwidth of the initial filter, the type of nonlmeanty assumed: 

the cutoff frequency and slope of the lowpass filter (or the shape of the 

weighting function describing the temporal window): and the nature and 

sensitivity of the decision device" (Moore. 1989, p. 154). As the first two stages 

of these models are conceptualized as occurring in cochlea while the latter 

I i 
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stages in the central auditory system, it stands to reason, as well, that temporal 

resolution deficits may either be peripheral or central in nature. 

Temporal Resolution in the Impaired Cochlea 

Let us return to the issue of broad auditory filters in the impaired cochlea. 

Although they are detrimental for frequency resolution, it would seem intuitive 

that they would be beneficial for temporal resolution (Buus & Florentine, 1985; 

Moore, 1985). As noted above, auditory filters ring after the offset of input and 

the duration of the ringing is inversely proportional to the bandwidth of the filter. 

As wider auditory filters exhibit faster decay they should, as well, exhibit better 

temporal resolution than narrower filters, due to the absence of auditey activity. 

In other words, "since listeners with cochlear impairments typically have 

broader-than-normal auditory filters, the temporal response of their filters should 

be correspondingly more rapid than normal, and this should iead to improved 

temporal resolution" (Moore, 1985, p.199). 

In practice, however, temporal resolution often appears to be poorer in 

listeners with sensorineural hearing losses than in normals. For example, gap 

detection thresholds have repeatedly been reported to be elevated among 

hearing-impaired listeners (Buus & Florentine, 1985; Fitzgibbons & Wightman, 

1982; Florentine & Buus, 1984; Glasberg, Moore, & Bacon, 1987; Irwin, 

Hinchcliffe, & Kemp, 1981; Moore & Glasberg, 1988; Trinder, 1979; Tyler et al., 

1982). In addition, hearing-impaired listeners have shown detriments in 

performance relative to normal listeners on other measures of temporal 

resolution: temporal integration (Gengel & Watson, 1971), forward and 

backward masking (Cudahy, 1977; Cudahy & Elliot, 1975,1976; Danaher, 

Wilson, & Pickett, 1978; Kidd, Mason, & Feth, 1984; Zwicker & Schorn, 1982), 

detection of tone bursts in modulated noise (Humes, 1990), and temporal 

modulated transfer functions (Bacon & Viemeister, 1985). 
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There are reports, however, that suggest that the temporal resolving 

capacities of hearing-impaired individuals may not be inferior to normal 

listeners. On closer examination, it appears that findings reflecting performance 

of cochlear hearing-impaired listeners on temporal resolution tasks are 

equivocal. Differences among studies may be attributed to varying task 

demands that either exploit impaired (typically high-frequency) cochlear 

channel deficits or equate performance with tasks designed for normal 

functioning (typically low-frequency) cochlear channels. 

Three important factors have been identified as contributing to hearing-

impaired listeners' less than favorable performance on temporal resolution 

tasks (Moore, 1993). The first is the degree to which stimuli in the temporal 

resolution tasks fluctuate in amplitude. As noted above, gap detection 

thresrViu3 in hearing-impaired listeners have been reported to be elevated. 

When gap detection is determined for sinusoids as opposed to bands of noise, 

however, small if any differences are found between the hearing impaired and 

normal listeners (Moore & Glasberg, 1988; Moore et al., 1989). Moore and 

colleagues (Glasberg et al., 1987; Moore & Glasberg) suggest that the impaired 

performance in noise may be a consequence of loudness recruitment. That is, 

the instantaneous fluctuations of the narrow bands noise may be perceived as 

louder than normal in the impaired cochlea making the gap detection task more 

difficult, as dips in the noise might be confused with the gap to be detected. To 

buttress this posit. Glasberg and Moore (1992) demonstrated that normal 

listeners, when faced with magnified envelope fluctuations in narrowband 

noise, akin to loudness recruitment suffered by hearing-impaired listeners, 

display inferior gap detection performance. 

A second factor influencing temporal resolution perfoi nance relates to 

the reference intensity level of the stimulus presentation. Often when normal-
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hearing listeners are compared with hearing-impaired listeners at equal sound 

pressure levels (SPLs), the former exhibit superior performance on temporal 

resolution tasks. When the same two groups are evaluated ai equal sensation 

'evols (SLs), performance differences are negated (Fitzgibbons & Wightman, 

1982; Glasberg et al., 1987; Moore & Glasberg, 1988; Moore et al., 1989; Tyler 

et al., 1982). It is also well know that normal listeners performance on temporal 

resolution tasks decreases at lower SLs (Bacon & Viemeister, 1985; 

Fitzgibbons, 1983; Plomp, 1964; Shailer & Moore, 1985; Viemeister, 1979). 

Unfortunately, performance between normal-hearing and hearing-impaired 

listeners can not often be evaluated at equivalent SLs because of loudness 

recruitment experienced by hearing-impaired listeners. 

A third factor limiting temporal resolution performance in hearing-

impaired listeners is the listening bandwidth available to the hearing-impaired. 

There are two means of embraciny this concept. The first is in the spectral 

domain. If the signal, or part thereof, is inaudible it seems likely that task 

performance would suffer for this reason alone. The modulation thresholds for 

sinusoidally amplitude-modulated broadband noise findings of Bacon and 

Viemeister (1985) are a case in point. Sensitivity to amplitude modulation and 

the highest detectable modulation frequency was poorer in hearing-impaired 

listeners. These effects were level dependent, as well. That is, as the carrier 

spectrum level decreased so did sensitivity and the highest detectable 

modulation frequency. This pattern was attributed to the fact that the higher 

frequencies were inaudible to the hearing-impaired listeners (i.e., as Bacon and 

Viemeister suggest, a narrower effective internal bandwidth). Normal-hearing 

participants, with a simulated high-frequency hearing loss, exhibited a pattern of 

performance similar to that of the hearing-impaired listeners. In a follow-up 

study Bacon & Gleitman (1992) evaluated modulation detection thresholds in 
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hearing-impaired listeners who had relatively flat mild-to-moderate losses. At 

comparable SLs temporal modulation transfer functions for seven of eight 

hearing-impaired participants were similar to normal controls. The findings from 

both studies suggest that temporal resolution task performance may be 

dependent on audibility. Turner, Souza, and Forget (1995) have demonstrated 

that when audibility is compensated for, temporal acuity of listeners in terms of 

speech recognition is not impaired. They investigated the ability to use 

temporal cues in speech directly with 16 hearing-impaired listeners. Processed 

(i.e., where the spectral information was removed resulting in a time-varying 

speech envelope amplitude-modulated noise carrier) and unprocessed 

nonsense syllables were presented to participants. Recognition of the 

envelope signals in quiet and noise was examined. There was no difference in 

performance between the hearing-impaired listeners and normal controls 

suggesting that hearing-impaired listeners, when compensated for the loss of 

audibility, do not exhibit temporal acuity deficits in terms of speech recogn;tion 

compared to normal-hearing listeners. 

The second way of conceptualizing listening bandwidth as limiting 

temporal resolution in the hearing-impaired listener is in the temporal domain. 

Hearing-impaired listeners are at a disadvantage due to thy functional loss of 

the high-frequency region of the cochlea. Since it is the population of high-

frequency cochlear output channels that have the best temporal resolution, it 

has been suggested that the loss of these channels is somewhat responsible 

for poor temporal resolution performance (Bacon & Viemeister, 1985; Buus & 

Florentine, 1985; Moore, Glasberg, Donaldson, McPherson, & Plack, 1989; 

Shailer & Moore, 1987). That is, functional hearing in the cochlearly impaired 

(i.e., those who typically demonstrate high-frequency iosses) is confined to low-

frequency channels whose (normal) temporal resolution is inherently inferior to 

I 
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that of the high-frequency channels. Consequently, their performance on 

temporal resolution tasks appears impaired relative to normal listeners. This 

speculation has been given credence by a number of studies that have found 

that the performance of normal iisteners with simulated high-frequency hearing 

losses mimics hearing-impaired listeners performance on various temporal 

resolution tasks: forward and backward masking in "masking period patterns" 

(Zwicker & Schorn, 1982), gap detection (Buus & Florentine, 1985), temporal 

modulated transfer functions (Bacon & Viemeister, 1985), and detection of tone 

bursts in modulated noise (Arlinger & Dryselius, 1990). Further, there is 

evidence from animal literature that the temporal coding properties of the 

cochlea are not impaired following outer hair cell degeneration (Harrison & 

Evans, 1979). 

The Relationship Between Temporal Resolution and Speech Understanding 

Previously it was implied that impoverished temporal resolution was in 

part responsible for hearing-impaired individuals' poor speech understanding 

performance in adverse listening situations. It seems intuitive to suggest that 

one should find a relationship between speech intelligibility performance and 

temporal resolution as reflected on psychophysical tasks. A number of 

researchers have examined this possibility. Tyler et al. (1982) investigated four 

measures of temporal resolution (i.e., temporal integration, gap detection, 

temporal difference limen, and gap difference limen) among 16 hearing-

impaired participants. Additionally, measures of identification and 

discrimination of synthetic syllables differing in voice onset time and word 

recognition in noise were obtained. The authors reported "increased temporal 

differance limen and longer gap-detection thresholds were found to correlate 

significantly with reduced speech intelligibility in noise, even when the effects of 

pure-tone thresholds were partialied out" (Tyler et al., p.740). 
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Dreschler and Plomp (1985) similarly employed a test battery approach 

to investigate the relationship between psychophysical task performance and 

speech perception. Forward and backward masking and gap detection 

thresholds at 500,1000, and 2000 Hz were investigated as indices of temporal 

resolution along with phonemic perception and speech perception tests. 

Forward and backward masking and gap detection were all statistically related 

to speech oerception in noise. The authors concluded that the findings support 

the notion of the negative effect of deficient temporal resolution on speech 

perception. 

Irwin and McAuley (1987) conducted three experiments to investigate the 

relationship between temporal acuity (i.e., gap ..etection threshold) and speech 

perception in noise and reverberation in hearing-impaired listeners. Pearson 

product moment correlations revealed a moderate relationship between gap 

detection threshold and speech perception. A principal components analysis 

yielded a pattern consistent "with the interpretation that poor temporal acuity, as 

summarized by a time constant, is accompanied by degraded perception of 

speech distorted by noise and reverberation" (Irwin & McAuley, p. 1564). 

Arlinger and Dryselius (1990) also reported a significant correlation 

between temporal resolution (assessed with a forward masking paradigm) and 

word recognition in noise between 10 normal-hearing and 11 participants with 

moderate, high-frequency, sloping hearing losses. Although, the single 

audiometric index with the highest correlation with speech recognition in noise 

was the average hearing threshold levels at 2000 and 4000 Hz, it was followed 

by a correlation with indices of forward masking (cf. 0.7 and 0.6). 

The findings of Festen and Plomp (1983) are to the contrary of those 

cited above. Twenty-two hearing-impaired iisteners were subjected to a battery 

of tests including sentence recognition in quiet and noise, frequency resolution, 
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and temporal resolution tasks (i.e., intensity modulated noise and forward and 

backward masking). A principal components analysis revealed two distinct 

clusters, one for frequency resolution and one for audiometric loss, explaining 

48.1% and 17.6% of the variance, respectively. The correlation between 

clusters was weak. There were no statistically significant correlations between 

any temporal resolution indices and sentence recognition performance. 

Similarly, Dubno and Dirks (1990) failed to find a relationship between 

temporal resolution and speech understanding. Nine normal-hearing and 24 

hearing-impaired listeners were assessed with a forward masking task and 

recognition of synthetic consonant-vowel syllables. The authors found no 

apparent relationship between consonant recognition and a time constant of 

recovery from forward masking. The findings of the study need to be cautiously 

interpreted as only one index of temporal resolution was employed. 

The Interrupted Noise Paradigm 

Word recognition is routinely used as a measure of auditory function. 

Open set word recognition testing in quiet has been criticized on a number of 

grounds including a lack of face validity, an inability to differentiate normal and 

sensorineural impaired listeners, and an inability to differentiate the 

performance of hearing aids (e.g., Bess, 1983; Danhauer, Doyle, & Lucks, 1985; 

Surr & Schwartz, 1980). Assessment of word recognition ability in competing 

background noise has been advocated as a means of increasing face validity 

(Bess, Olsen, & Matkin, 1991) and improving test sensitivity (e.g., Cohen & 

Keith, 1976; Cooper & Cutts, 1971; Findlay, 1976). Tne most common type of 

background competing stimulus is continuous broadband noise due to its 

availability on clinical audiometers (Bess). 

One may acknowledge that continuous noise as a competing signal is 

not typically what is encountered in everyday listening situations. This notion, 

P t 
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that noise may be intermittent and fluctuate in loudness, was recognized in 

seminal studies investigating speech intelligibility Miller (1947) noted that the 

effectiveness of a masking sound on speech was dependent upon its level 

relative to the speech signal, acoustic spectrum, and temporal continuity. He 

was the first to report on the effectiveness of an "interrupted" masker. Percent 

word articulation scores were investigated as a function of the percentage of 

time that a white noise masker was on. It was found that masking effectiveness 

decreased with a reduction in the duty cycle of the masker For a signal-to-

noise ratio (S/N) of -6 dB, compare percent articulation scores of approximately 

5%, 60%, 75%, 90%, and 100% for noise-on-times of 100%, 80%, 65%, 50%, 

and 25%, respectively 

Miller and Lickhder (1950) examined the effect of the frequency of 

interruption of the masking noise on percent correct word articulation When the 

noise masking interruption increased from 1 to 10 Hz speech inte'ligibihty 

improved. As the frequency of interruption increased above 10 Hz, however, 

intelligibility decreased. At an interruption rate of several hundred times per 

second (s) the noise essentially assumed a continuous characteristic The 

authors also reported that the effect of regular versus random interruptions were 

qualitatively similar. Similar results have been reported by several other 

investigators (Carhart, Tillman, & Johnson, 1966; Pollack 1954,1955; Wilson & 

Carhart, 1969). Pollack (1955) additionally reported that if the silent periods 

between successive noise bursts were filled with noise, masking efficiency 

improved. When the "inter-burst ratios" (i e , the difference in dB between two 

successive noise bursts and the level of noise filling the otherwise silent interval 

between them) increased to -6 dB from -18 dB and -12 dB, percent words 

correct fell from approximately 65% and 40% to 25 %, respectively. There was 
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little difference between the -18 dB inter-burst ratio and a "silent" inter-burst 

ratio. 

The effect of interrupted masking on speech stimuli other than 

monosyllabic words has also been reported. Speech reception thresholds 

have been reported to be lower for spondees (i.e., disyllabic words pronounced 

with equal stress on both syllables) presented in white noise interrupted at rates 

of either 1,10, or 100 Hz with a duty cycle of 50% (Wilson & Carhart, 1969) and 

for sentences presented in a speech spectrum noise interrupted at a rate of 10 

Hz with a duty cycle of 50% (de Laat & Plomp, 1983) compared to continuous 

noise. Wilson and Punch (1971) performed two experiments to evaluate the 

effect of duty cycle and level of an interrupted masker on spondee thresholds 

among 15 normal-hearing participants. Spondee thresholds increased with 

increasing duty cycles and masker levels. There was also an interaction 

between duty cycle and masker level. At higher masking levels there were 

greater increases in masking efficiency with increasing duty cycles. Calearo, 

Teatini, and Pestalozza (1962) reported that intelligibility of sentences 

decreases with increasing interruption rate (i.e., from 20 to 500 interruptions/s). 

In a comprehensive study Dirks, Wilson, & Bower (1969) studied 

intelligibility functions for spondaic and monosyllabic words and identification 

functions for synthetic sentences in interrupted noise with rates of 1,10, and 

100 Hz with a duty cycle of 50%. As with previous experiments, masking 

effectiveness was reduced in the interrupted conditions for al! speech materials. 

There were, however, different patterns of interference for the various speech 

stimuli. The greatest release from masking (i.e., the decrease in masking 

efficiency relative to the continuous noise masking condition) for the spondaic 

and sentence materials occurred at the 1 interruption/s condition and 

decreased with increasing interruption rates. For the monosyllabic material the 
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greatest release from masking occurred at 10 interruptions/s at favorable S/Ns. 

As the S/Ns deteriorated the slope of the function resembled that found with 

continuous noise. At the poorest S/Ns the slope flattened and proceeded to 

drop gradually. These findings with monosyllabic materials were replicated by 

Dirks and Bower (1970). The discrepancies, between studies cited above, in 

masking effectiveness with interruption rate and speech materials have been 

attributed to differences in the intrinsic redundancy of spondee and sentence 

stimuli (Dirks & Bower, 1971). Finally, similar performance-intensity functions 

have been reported for intervocalic-vowel syllables in interrupted noise 

compared to monosyllabic words (Howard-Jones & Rosen, 1993). 

It is of interest to note that a similar release from masking has been 

observed in other time-varying maskers of the same overall level. Better 

speech intelligibility is observed with periodically amplitude-modulated 

competing white noise compared to continuous noise (Carhart et al., 1966: 

Carhart, Tillman, & Greetis, 1S68; Eisenberg, Dirks, & Bell, 1995; Shapiro, 

Melnick, & VerMeulen, 1972). Generally, performance increases with 

modulation depth and decreasing modulation rate (to a rate of about 20/s). 

Sentence reception thresholds are lower in amplitude-modulated compared to 

continuous noise (Festen, 1987; Festen & Plomp, 1990). Interfering speech 

from a second voice, as well, commands less masking efficiency than a 

continuous broadband masker (Carhart et al., 1966; Duquesnoy, 1983a; 

Festen; Festen & Plomp). 

Speech Perception in interrupted Noise: A Temporal Resolution Phenomenon? 

In assessing speech intelligibility performance in interrupted noise, Miller 

(1947) commented that "apparently the recovery of the ear is rapid enough, and 

our ability to integrate fragments of speech is great enough, that any periodic 

interruption of masking sounds lowers its masking effectiveness" (p. 122). 
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Others have suggested that listeners get "glimpses" (Miller & Licklider, 1950) or 

"looks" (Dirks et al., 1969) of each word between the gaps of noise and are able 

to patch the information together in order to identify the specific word. Pollack 

(1955) proposed that there was some "recovery" in the auditory system between 

the intervals of noise. The prevailing thought from these studies was that rapid 

interruptions of short durations had little influence on masking effectiveness and 

as such, noise stimuli with those characteristics performed as if continuous. 

Rapid interruptions are effectively eliminated due to the temporal resolution 

limitations of the auditory system. Only when the interruptions are slowed can 

the auditory system take advantage and a release from masking over effective 

continuous masking can occur. 

Dirks and colleagues (Dirks et al., 1969; Dirks & Bower, 1970) were the 

first to suggest and investigate that two phenomena were responsible for the 

masking effect on speech intelligibility observed in interrupted noise with 

monosyllabic stimuli. One was due to the simultaneous masking during the 

noise burst while the other was temporal masking during the inter-burst interval. 

Temporal masking refers to a situation where the signal and the masker are not 

simultaneous in time. Forward masking occurs when the masker precedes the 

signal and elevates its detection threshold while backward masking occurs 

when a signal precedes a masker and has an elevated threshold (Elliot, 1962a, 

1962b, 1971; Fasti, 1976,1977, 1979; Osman & Raab, 1963; Penner, 1974; 

Weber & Moore, 1981). Dirks and colleagues believed that the silent intervals 

were not "free" from the influence of noise bounding them. In other words, the 

silent gaps were subject to "spill-over" from the noise as a consequence of 

forward and backward masking. It had been known previously, and replicated 

subsequently, that nonspeech signals positioned in the silent gap in otherwise 

continuous noise are influenced by both forward and backward masking and 
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exceeds what would be expected by a simple summation of the two (Elliot, 

1969; Fasti, 1976,1977, 1979; Patterson, 1971; Pollack, 1964; Robinson & 

Pollack, 1973; Wilson & Carhart, 1971). In an ingenious study Dirks and Bower 

set out to investigate the effect of forward and backward masking of speech 

intelligibility in interrupted noise with monosyllabic stimuli. 

Three experimental conditions were employed by Dirks and Bower 

(1970) to investigate intelligibility functions for monosyllabic words: speech 

interrupted by silent intervals at rates of 1,10, and 100/s; speech alternated with 

noise at rates of 1,10, and 100/s; and speech in interrupted noise (0.5 noise-

time fraction) at rates of 1,10, and 100/s. The noise was held constant at 80 dB 

SPL while the speech signal varied. Comparison of the first two conditions 

provided a measure of the effect of forward and backward masking during the 

noise free interval. Comparison of the second and third conditions yielded an 

estimate of how much the speech during the noise interval contributes to 

intelligibility. The results suggested that as the rate of interruptions increase 

from 10/s to 100/s the effects of forward and backward masking increase. In 

other words, as the window between the noise bursts decreases the masking 

effects become more pronounced. At a slow interruption rate little masking is 

observed except at very unfavorable S/Ns. Further, speech heard during the 

noise burst adds to the intelligibility at favorable S/Ns for the slow 1/s 

interruption rate. Finally, speech heard during the noise bursts at 100/s 

interruptions had minimal effect on intelligibility and at 10/s "the function was 

formed entirely by the speech heard during the noise free interval" (Dirks & 

Bower, p. 1008). 

As to the question of whether speech perception in interrupted noise is a 

temporal resolution phenomenon, the answer has to be yes. Adequate 

temporal resolution is required as the listener must sustain the temporal gaps in 
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the masker thereby taking advantage of the favorable S/Ns. The release from 

masking in interrupted noise is therefore limited by the auditory system's ability 

to resolve acoustic information in the silent gaps between the successive noise 

bursts. The data from Dirks and Bower (1970) suggest that for young normal-

hearing listeners the minimal gap whereby speech can be resolved appears to 

be approximately 5 ms as the noise masker interrupted 100/s was almost as 

efficient as a continuous masker. 

Employing the Interrupted Noise Paradigm to Reveal Temporal Resolution 

Deficits 

D.P. Phillips, Rappaport, and Gulliver (1994) pursued the notion that 

hearing-impaired listeners' temporal resolving power is limited by their low-

frequency channel capacities with a word recognition-in-noise paradigm. 

Specifically, word recognition performance was investigated in continuous 

broadband and interrupted noise in normal and noise-induced hearing-

impaired listeners as a function of S/N. The interrupted noise was shaped to 

simulate the temporal envelope of speech. It was speculated that the paradigm 

challenged listeners' temporal processing mechanisms as listening in 

interrupted noise requires resolving speech information in the gaps of silence. 

Fifteen listeners with specifically noise-induced high-frequency losses and 15 

normal-hearing listeners served as participants. It was demonstrated that the 

hearing-impaired participants' performance, as reflected by performance-

intensity functions, was not significantly different from normals in the continuous 

broadband noise condition but was significantly impaired in the interrupted 

noise condition. It was hypothesized that the difference in performance in the 

interrupted noise condition was related to hearing-impaired listeners' restriction 

to low-frequency channels and, as such, a reduced ability to temporally resolve 

auditory information between the gaps of noise. D.P. Phillips et al. reasoned: 



22 

Because the spectra of the two noise maskers were virtually identical, the 

selectivity of the defect must be associated with the temporal differences 

between the maskers. This selectivity of the impoverished per*.,.mance 

confirmed ... that the patients with cochlear hearing loss had a poorer ability 

to recognize the speech fragments that occurred in the silent periods of the 

masker and, therefore, that they evidenced some form of temporal 

processing deficit, (p. 683) 

In the first proposed experiment of this dissertation, it was therefore 

hypothesized that if hearing-impaired listeners' detriment in performance was a 

consequence of restricted low-frequency channel capacity with inherently 

inferior temporal resolution, normal-hearing listeners should exhibit a similar 

detriment in performance on the same task if studied u..der conditions that 

simulate a hearing loss. That is, one would predict that normal-hearing 

iisteners, with a simulated high-frequency hearing loss, would display an 

impaired performance in interrupted noise akin to noise-induced hearing-

impaired listeners due to the normal, but inherently poorer, low-frequency 

channel ability to temporally resolve auditory information occurring in the gaps 

of the interrupted noise. If similarities are in fact evident, then one may 

conclude that performance is attributable to hearing-impaired listeners' and 

normal listeners' restricted low-frequency channel capacities. If differences are 

evident between the real and simulated impairments, then one must conclude 

that abnormal temporal processing is a consequence of activity through the 

impaired high-frequency cochlear channels. The purpose of the first 

experiment was to investigate this speculation by comparing normal-hearing 

listeners' performance in continuous and interrupted broadband noise as a 

function of S/N with and without a simulated ugh-frequency hearing loss. 
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Presbycusis 

In the simplest terms, presbycusis is a decline in hearing ability with 

aging. In general, an individual suffering from presbycusis presents with a 

bilateral, predominantly high-frequency, hearing loss with an accompanying 

difficulty in understanding speech in adverse listening conditions that would not 

be explained by the loss of hearing sensitivity alone (Bergman, 1980; Marshall, 

1981; Willott, 1991; Working Group on Speech Understanding and Aging, 

1988). Although this concept of declining auditory ability has general appeal 

there remains some discussion as to how one defines presbycusis and uses the 

term to classify older individuals with hearing impairment (e.g., Gelfand & 

Silman, 1985; Marshall; Lowell & Paparella, 1977; Paparella, 1978). One 

concern is the confounding of changes in hearing associated with aging and 

concomitant changes from other influences. Kryter (1983) delineates the effects 

of presbycusis, sociocusis, and nosocusis. They respectively refer to changes 

in hearing sensitivity associated with aging, exposure to environmental sounds 

associated with every day living, and pathological insult. Willott notes that 

presbycusis has traditionally referred to elevation of audiometric thresholds, but 

argues that one should not divorce the fact that audition entails more than 

simply detection; it encompasses multiple levels of processing whose end 

product is perception (or lack thereof). With this in mind, his definition has 

intuitive appeal and is hence adopted: 

Presbycusis refers to the decline of hearing associated with various types of 

auditory system dysfunction (peripheral and/or central) that accompany 

aginc and cannot be accounted for by extraordinary ototraumatic, genetic, or 

pathological conditions. The term "presbycusis" implies deficits not only in 

absolute thresholds but in auditory perception, as well. (pp. 2-3) 
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The demographics of aging and hearing loss are staggering. Hearing 

loss is the third highest chronic health complaint among the elderly (National 

Center for Health Sciences, 1987). Prevalence studies suggest that anywhere 

from 20% to 83% of individuals 55 years and older suffer hearing impairment 

(e.g., Davis, 1989; Gates, Cooper, Kannel, & Miller, 1990; Kryter, 1983; Leske, 

1981; Moscicki, Elkins, Baum, & McNamara, 1985; Pearson, Morreli, Gordon-

Salant, Brant, Metter, Klein, & Fozard, 1995; Plomp, 1978). Discrepancies 

among prevalence estimates are attributed to the criteria adopted for defining 

hearing impairment, test protocol, population characteristics, and test 

environment. General trends, however, point to hearing impairment increasing 

dramatically with successive aecades among individuals over 55 years of age. 

Approximately 25% to 40% of individuals over 65 years of age compared to 

approximately 90% over 80 years of age display hearing loss (Bess, 

Lichtenstein, & Logan, 1991). Considering estimations of individuals in their 

middle and later years in North America, some 8 to 12 million elderly people are 

considered to be hearing-impaired (Bess et al.). 

Histopathologic and Morphologic Findings Relevant to Presbycusis 

Histopathologic and morphologic findings from studies of human 

temporal bones and brains have revealed age-related structural changes at all 

levels of the auditory system. Degenerative changes and morphological 

changes in the cochlea include loss of hair cells particularly at the basal end 

and atrophy of supporting cells (e.g., Engstrom, Hillerdal, & Laurell, 1987; 

Johnson & Hawkins, 1972a, 1972b: Schuknecht, 1964; Zallone, Teti, Balle, & 

lurato, 1987). Age-related changes have been observed in the ganglion 

cells/auditory nerve fibers (e.g., Engstrom et al.; Johnson & Hawkins, 1972a; 

Krmpotic-Nemanic, 1971; Nadol, 1979; Schuknecht; Spoendlin & Schrott, 1989, 
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1990) and stria vascularis (e.g., Engstrom et al.: Johnson & Hawkins, 1972b; 

Krmpotic-Nemanic; Schuknecht; Suga & Lindsay, 1976; Takahashi, 1971). 

Numerous central auditory pathway anomalies attributed to aging have 

also been observed including changes in the ventral cochlear nucleus 

(Arnesen, 1982; Hansen & Reske-Neilson, 1965; Kirikae, Sato, & Shatara, 

1964; Konigsmark & Murphy, 1972), trapezoid body (Casey & Feldman, 1982, 

1985a, 1985b), lateral lemniscus (Ferraro & Minckler, 1977a), inferior colliculus 

(Ferraro & Minckler, 1977b; Kirikae et al ; Hansen & Reske-Neilson), medial 

geniculate body (Kirikae et al.), and cerebral cortex (Brody, 1955; Hansen & 

Reske-Neilson; Scheibel, Lindsay, Tomiyasu, & Scheibel, 1975). These central 

auditory pathway anomalies include (although not necessarily uniform across 

all structures and individuals) loss of cells, decreased cell nuclei volume, 

change in cell shape, decreased dendritic branching, vascular alterations, and 

an accumulation of lipofuscin within neurons. Similar age-related 

neuropathology has been documented in other nonauditory certral structures 

(for a review see Duara, London, & Rapoport, 1985). There is some suggestion 

that age-related changes in the central nervous syster,, r.'.ay mediate a general 

"slowing" or decline in the speed of behavior (for a review see Birren, Woods, & 

Williams, 1980). Although there is a plethora of evidence demonstrating 

histopathologic and morphologic changes in aged numan specimens, one must 

show some restraint in interpretation of the data as it is not known if the changes 

are associated with aging or due to post-mortem change or terminal disease 

(Duara et al.; Willott, 1991; Working Group on Speech Understanding and 

Aging, 1988). Further, although structural age-related degenerative changes 

observed at all levels of the auditory system would intuitively suggest many 

functional consequences, none have been established. 
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Willott (1991) identifies three factors that have been troublesome with the 

interpretation of research findings investigating age-related histopathologic and 

morphologic findings in aging humans: it is difficult to obtain post-mortem 

samples that are free from autolytic artifact; "central" changes may be a 

consequence of peripheral sensorineural pathology; and environmental and 

genetic factors may interact with general aging effects. The use of animal 

models have been advocated as a means io alleviate these problems. For the 

most part studies of aging in animals have independently confirmed evidence 

for both peripheral and central alterations found with hum ns and have offered 

additional evidence: age-related changes vary with cell type; within- and 

between-individual variability in neuropathology is observed; genetic factors 

may influence histopathology; and connections between central auditory 

components persist despite insult from biological aging and peripheral 

pathology (Willott). In spite of accumulating evidence from animal models a 

caveat remains: 

As was the case with histopathological observations on humans, the 

functional significance of age-reiated change in animals is difficult to assess. 

While we can describe the histopathological changes in animals in great 

detail, it is more difficult to relate them to complex perceptual capacities. 

Behavioral studies are sorely needed to determine how far the histological 

changes can advance before perceptual abilities are affected. (Willott, 

p.121) 

Auditory Function in the Presbycusic Listener 

The first and most iocumented evidence of auditory dysfunction in the 

presbycusic listener is a loss of hearing sensitivity as reflected in elevated pure-

tone thresholds. The typical audiometric configuration is hearing thresholds 

within a normal range to 1000 Hz (i.e., < 25 dB HL) with a bilateral mild sloping 
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to moderately-severe sensorineural loss (i.e., thresholds > 25 dB HL to 

approximately 60 to 70 dB HL [e.g., Brant a Fozard, 1990; Corso, 1963; 

Erlandsson, Hakanson, Ivarsson, & Nilsson, 1982; Gates et al., 1990; Kryter, 

1983, Moscicki et al., 1985; Pearson et al., 1995; Plomp, 1978; Robinson & 

Sutton, 1979]). There are some cases of presbycusis that have been 

documented, however, not to follow a high-frequency sloping configuration but 

rather have a flat configuration (Dayal, Kane, & Mendelsohn, 1970). Generally 

hearing loss begins as early as the forth decade of life and increases 

dramatically with age, particularly after the sixth decade. Loss of hearing 

sensitivity is greater in males at most ages although males tend to have better 

low-frequency hearing sensitivity than females (Jerger, Chmiel, Stach, & 

Spretnjak, 1993; Pearson ef al.). There is some disagreement as to whether 

there are in fact differences between males and females when sociocusis 

differences are controlled for (cf. Kryter and Pearson et al.). 

Age-related changes have been discovered in auditory function as 

evaluated with other nonspeech and speech materials. Binaural processing, as 

assessed behaviorally with masking level differences (Grose, Poth, & Peters, 

1994; Tillman, Carhart, & Nicholls, 1973) and a dichotic digits task (Martin & 

Cranford, 1991) or electrophysiological^ with late auditory evoked potentials 

(Cranford & Martin, 1991), has also been shown to deteriorate with age. 

Frequency selectivity (as assessed by psychophysical tuning curves or derived 

auditory filter shapes) has been found to be poorer in elderly listeners 

(Glasberg, Moore, Patterson, & Nimmo-Smith, 1984; Lutman, 1991; Lutman, 

Gatehouse, & Worthington, 1991; Patterson et al., 1982; Zwicker, & Schorn, 

1978). On the other hand upward spread of masking was not found to differ 

between young and elderly hearing-impaired listeners (Klein, Mills, & Adkins, 

1990). 
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Findings of speech understanding performance in elderly presbycusic 

listeners in quiet on first glance seem to be equivocal. There have been reports 

that their performance is equivalent to younger listeners (e.g., Dubno, Dirks, & 

Morgan, 1984; Findlay & Denenberg, 1977; Gang, 1976; Gordon-Salant, 1387; 

Harris & Reitz, 1985; Holmes, Kricos, & Kessler, 1988; Kasden, 1970; 

Rintelmann, Schumaier, Jetty, Burchfield, Beasley, Mosher, Mosher, & Penley, 

1975; Schum, Mathews, & Lee, 1991; Townsend & Bess, 1980) while others 

suggest otherwise (e.g., Duquesnoy, 1983a, 1983b; Gelfand, Piper, & Silman, 

1986; Heifer, & Wilber, 1990; Humes, Nelson, & Pisoni, 1991; Humes & Roberts, 

1990: Plomp A Mimpen, 1979). On closer examination the differences may be 

attributed to the fact that elderly Iisteners failed to achieve maximum 

performance due to low presentation levels and/or because older listeners with 

substantial hearing losses were included in the samples (Gang: Gordon-Salant; 

Kasden; Marshall, 1981; Willott, 1991). 

There is overwhelming evidence that presbycusic Iisteners are 

significantly impaired in nonoptimal listening conditions. Performance 

detriments in speech understanding have been demonstrated in broadband 

noise (Dubno et al., 1984; Gelfand et al., 1986; Gimsing, 1990; Gordon-Salant, 

1987; Hargus & Gordon-Salant, 1995; Humes et al., 1991: Jokinen. 1973; Plath. 

1991, Plomp & Mimpen, 1979; Prosser, Turrini, & Arslan, 1991 • Schum et al., 

1991; Souza, & Turner, 1994; von Wedel, von Wedel, & Streppel, 1991a), 

babble (Dubno et al., 1984; Findlay & Denenberg, 1977; Gelfand et al., 1986), 

competing speech (Bergman, 1980; Carhart & Tillman, 1970; Duquesnoy, 

1983a), and reverberation (Duquesnoy & Plomp, 1980; Harris & Reitz, 1985; 

Heifer, 1992; Heifer, & Wilber, 1990; Nabelek & Rooinson, 1982). The results of 

these findings, although convincing, are not necessarily easy to interpret. The 

contributing factors responsible for this detriment in performance in less than 
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optimal listening conditions are hard to isolate. Three potential contributing 

factors have been identified: peripheral hearing loss, central ajditory system 

dysfunction, and/or cognitive deficits (Marshall, 1981; Willott, 1991; Working 

Group on Speech Understanding and Aging, 1988). That is, loss of hearing 

sensitivity, loudness recruitment, impaired frequency and temporal resolution 

associated with peripheral hearing loss; impaired or slowed central auditory 

processing; and/or a general slowing or reduction of cognitive-linguistic 

processing in any sensory channel associated with advanced aging may be 

responsible for impaired speech understanding in the presbycusic listener The 

interaction of all three factors has been theoretically proposed (Willott) 

Numerous researchers have attempted to quantify the contributions peripheral 

hearing, central auditory system, and/or cognitive deficits on speech 

understanding in less than optimal listening conditions 

Speech Understanding Difficulties in Presbycusis- Source of the Deficit 

Several groups of researchers have suggested that the decline in 

speech understanding among presbycusic Iisteners can be accounted by the 

peripheral hearing loss alone. For example, Grady, Grimes, Pikus, Schwartz., 

Rapoport, & Cutler (1984) examined the relationship between aging and 

auditory function among 36 healthy males ranging in age from 21 to 83 years. 

Auditory function was assessed with a battery of tests pure-tone thresholds, 

speech reception thresholds, word recognition, lowpass tiltered speech, and 

binaural fusion. Correlational coefficients were computed with hearing loss 

being partialled out. It was found that "some measures of auditory processing of 

speech stimuli do not show a significant relation to age when effects of 

peripheral hearing loss are taken into account" (Grady et al., p. 107) Humes 

and Roberts (1990) employed three groups of 12 Iisteners to evaluate the 

contribution of audibility on speech recognition in the elderly: young normal-
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hearing adults, elderly hearing-impaired, and young normal-hearing adults with 

a simulated hearing loss. Performance was assessed with the Nonsense 

Syllable Test in quiet, noise, and reverberation. As expected, the young 

normal-hearing adults performed better than the elderly hearing-impaired and 

young normal-hearing adults with a simulated hearing loss. There was, 

however, no difference between the two hearing-impaired groups. The authors 

concluded that the findings were consistent with the notion that "the primary 

factor underlying speech recognition difficulties on the elderly hearing-impaired 

is the presence of a sensorineural loss producing a loss of sensitivity and 

loudness recruitment for high-frequency stimuli" (Humes & Roberts, 1990, p 

730). 

Souza and Turner (1994) appraised word recognition performance in 

three competing noises among young normal-hearing, young hearing-impaired 

and elderly hearing-impaired participants To no surprise the hearing-impaired 

listeners peiformed worse than the normal-hearing listeners. There was. 

however, no difference between tne young and older hearing-impaired 

participants, suggesting that the detriment in word recognition performance was 

a result of the hearing loss alone and not any age-specific factor(s) 

Finally, Humes, Watson, Chnstensen. Cokely, Hailing, and Lee (1994) 

measured speech recognition performance for a wide range of materials and 

listening conditions and in addition administered the Test of basic Auditory 

Capabilities (to assess auditory processing), Wechsler Adult Intelligence Scale-

Revised, and Wechsler Memory Scale-Revised to 50 participants aged 63 to 83 

A principal component analyses revealed two components explain,ng most of 

the variation in speech recognition performance. Audibility was the largest 

component accounting for approximately 75% of the variance The second 

factor accounted for 6% of the variance and represented recognition of speech 
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at high intensities. The measures of cognition and auditory processing 

accounted for little or no additional variance. 

Some investigators have suggested that the decline in speech 

understanding cannot be accounted for by the peripheral loss in hearing 

sensitivity but have failed to offer what those factor(s) may be aside from age 

effects (e.g., Dubno et al., 1984; Hargus & Gordon-Salant, 1995; Schum et al., 

1991). Other groups of researchers have suggested that, although most of the 

decline in speech understanding can be accounted for by the peripheral 

hearing loss in presbycusic listeners, there are other less significant factors 

involved. For example, van Rooij and Plomp (1989, 1990,1992) in a series of 

studies examined the auditive and cognitive factors contributing to speech 

perception difficulties in elderly listeners. A battery of tests was administrated to 

elderly participants including tests of audition (sensitivity, and frequency and 

temporal resolution), cognition (memory, processing, and divided attention), 

and speech reception (phoneme, spondee, and sentence level). Multivariate 

analyses revealed two statistically independent components accounting for the 

systematic variance in speech recognition performance. One component, 

representing two-thirds of the total variance accounted for in speech test 

performance, represented the high-frequency hearing loss with age while the 

second, accounting for the other one-third of the total variance, represented a 

general slowing of cognitive performance and reduced memory capacity. 

Gatehouse (1991) assessed 240 individuals aged between 50 and 70 

years with a battery of peripheral (i.e., hearing thresholds, temporal and 

frequency resolution), central auditory (i.e., binaural masking level difference, 

staggered spondaic words, Four Alternative Auditory Feature Test [Foster & 

Haggard, 1987], sentence identification in noise, and sentence identification in 

quiet with normal and fast presentation rates), and nonauditory cognitive (i.e., 
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verbal and nonverbal intelligence quotient) indices A stepwise multiple 

regression found that 21% of the performance variance was accounted for by 

age and peripheral hearing loss while an additional 11% was accounted for by 

aspects of central auditory function. Further, "the central auditory factors 

themselves were poorly related to the non-auditory variables of verbal and non

verbal IQ, suggesting they play a specifically auditory role as opposed to there 

being generally decreased processing ability" (Gatehouse, p 182). 

Humes and Christopherson (1991) reported similar results They 

investigated auditory processing and speech identification among young 

normal-hearing adults, young normal-hearing adults with a simulated hearing 

loss, and heanng-impaired older Iisteners aged 65 to 75, and hearing-impaired 

older listeners aged 76 to 86. A between-groups analysis on performance on 

the auditory processing and speech identification tasks, and a within-groups 

correlation and regression analyses within the two elderly groups was 

undertaken. The two older groups performed worse than the young normal and 

young simulated hearing-impaired groups The fact that the young simulated 

hearing-impaired group's performance was superior than the older hearing-

impaired listeners suggested that audibility alone could not account alone for 

the poorer performance among the older participants The correlation and 

regression analysis suggested that the primary contributor to speech 

understanding performance was the hearing loss but with increasing age this 

was less true. That is, there was an effect of age on performance independent 

of hearing loss 

Finally, Jerger, Jerger, and Pirozzolo (r 991) administered a battery of 

auditory and neuropsychological tests to 200 elderly participants with various 

audiometric configurations. Audiomemc tests included monosyllabic woid 

recognition, Synthetic Sentence Identification ([SSI], Speaks & Jerger, 1965), 
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Speech Perception In Noise ([SPIN], Kalikow, Stevens, & Elliot, 1977) and 

Dichotic Sentence Identification (Fifer, Jerger, Berlin, Tobey, & Campbell, 

1983). Neuropsychological tests included the Wechsler Adult Intelligence 

Scale-Revised (Wechsler, 1981), three subtests of the Wechsler Memory Scale-

Revised (Wechsler, 1987), Boston Naming Test (Kaplan, Goodglass, & 

Weintraub, 1983), Spatial Orientation Memory Test (Wepman & Turaids, 1975) 

Selective Reminding Test (Buschke & Fuld, 1974), and a four-choice visual 

reaction time test. A canonical analysis indicated two independent dimensions 

significantly affect speech recognition in elderly Iisteners The first was degree 

of hearing loss; the second was cognitive status. Multiple regression analyses 

suggested, however, that cognitive measures increase prediction of speech 

scores minimally and have relatively small consequence on speech measures. 

For example, percentage of variance accounted for after nearmg loss was 6%, 

3%, 6%, 8%, and 12% for monosyllabic word recognition, low predictability 

SPIN scores, high predictability SPIN scores, SSI, and Dichotic Sentence 

Identification, respectively. 

Various investigators have proposed that central auditory dysfunction 

accompanies senescence and it is this in conjunction with peripheral hearing 

loss that is responsible for speech understanding difficulties. To assess 

peripheral and central auditory function, Otto and McCandless (1982) 

administered a battery of audiometric tests to two groups of 30 participants with 

matched hearing thresholds. One group was young hearing-impaired aged 17 

to 45 years while the other was older, aged 60 to 80 years. Significant 

differences were found between groups for measures of both central and 

peripheral function. For example there was a higher incidence of recruitment, 

greater neural adaptation, reduced short term memory, poorer SSI scores, and 

abnormal auditory brainstem response indices. The authors suggested in many 

P 
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cases there "is behavioral and electrophysiological evidence of peripheral 

neural and central neural changes in the senescent auditory system" (Otto & 

McCandless, p. 114). The prevalence of central auditory dysfunction among 

individuals over 60 years of age has been estimated to range as high as 50% to 

70% in clinical samples and increases dramatically with increasing age (Jerger, 

Jerger, Oliver, & Pirozzolo, 1989; Shirinian & Arnst, 1982; Stach, Sprentnjak, & 

Jerger, 1990). Interestingly, central auditory decline has been reported in 

cognitively intact elderly adults without a concomitant decline in hearing 

sensitivity or linguistic proficiency (Rodriguez, DiSarno, & Hardiman, 1990). 

Rodriguez et al. reported that 15 of 25 participants between 60 and 85 years of 

age displayed abnormal performance on the SSI-lpsilateral Competing 

Message test (Speaks & Jerger, 1965). 

It is the opinion of some that the decline in speech understanding in the 

elderly is a sole consequence of concomitant extra-auditory cognitive decline 

(e.g., Working Group on Speech Understanding and Aging, 1986). It has been 

suggested that the cognitive deficits in the elderly are a consequence of a 

general remission or slowing of behavior (Birren et al., 1980) or a decrease in 

processing speed (Salthouse, 1980). If performance on audiometric tests 

depends on cognitive abilities such as memory and processing speed then one 

does not have to embrace the concept of central auditory deficits as a culprit for 

speech understanding difficulties experienced by the elderly iistener. The 

cause of impoverished speech understanding is a result of declining cognitive 

skills. This line of reasoning was adopted by Wingfield, Poon, Lombardi, and 

Lowe (1985). Time compression was used to vary speech presentation rates 

for normal sentences, syntactic strings, and random strings of words presented 

to 12 normal-hearing young (mean age = 19 years) and 12 older listeners 

(mean age = 67 years). Segment length ( 5 or eight words) was another 
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independent variable while words correctly recalled was the dependent 

variable. The results included an age interaction with speech rate. There was a 

greater detriment in performance for more meaningless stimuli, increased 

speech rate, and stimulus segment length for the elderly participants. The 

authors suggested that the use of time-compressed materials revealed a 

reduction in available central processing time among the elderly participants. 

Jerger and colleagues in a series of articles argue adamantly against 

any suggestion that a concomitant decline in cognitive ability is solely 

responsible for a decline in speech understanding in the elderly. In one study, 

130 healthy elderly participants ranging in age from 51 to 91 years were given a 

battery of audiometric and cognitive tests (Jerger, Jerger, Oliver, & Pirozzolo, 

1989). Test results were categorized as normal or abnormal. Sixty-three 

percent of cases were scored as congruent (i.e., normal-normal or abnormal-

abnormal) in terms of central auditory status and cognitive status. The 

remaining 37% of results were mcongruent That is, an abnormal 

categorization on one aspect was not associated with an abnormality on the 

other aspect In other words, the mcongruent results do not support the 

hypothesis that a cognitive decline can alone be responsible for a decline in 

speech understanding. The authors argued, as well, that peripheral hearing 

loss was not responsible for the abnormal scores on the central auditory 

function indices because the central auditory tests were relatively free of 

dependence on audiometric level. There was also no indication that those 

participants that had abnormal central test scores had poorer audiometric 

configurations than those who scored normal on the same measures. Jerger et 

al concluded that "the speech understanding problems of the elderly cannot be 

explained as simple functions of either degree or peripheral hearing loss or 

degree of cognitive decline" (Jerger et al., 1989, p.89). 
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In a second study, Jerger, Stach, Pruitt, Harper, and Kirby (1989) 

investigated auditory function among 23 diagnosed dementia patients. Jerger 

et al. reasoned that patients who were cognitively depressed should exhibit a 

depressed performance on auditory measures if those measures were 

cognitively demanding. Twelve of the 23 participants, however, displayed 

normal central auditory function assessed with word recognition and the SSI 

Test. Such findings are inconsistent with the notion that a cognitive decline 

must have a significant concomitant effect on central auditory function 

measures. Jerger, Mahunn, and Pirozzolo (1990) also presented a case study 

of a 40 year old individual followng a bout of viral encephalitis who presented 

with severe cognitive deficits (i.e., attention and speed of mental processing 

decline). The individual presented with a unilateral central auditory deficit The 

finding was important to the researchers as a cental auditory deficit was 

demonstrated in spite of severe cognitive deficits In other words, the case 

"demonstrates that central, specifically-auditory, effects may coexist with 

cognitive deficits, and that the two can be measured separately" Jerger et ai 

1990, p. 119). 

Finally, Jerger (1992) examined the contribution of peripheral hearing 

loss on speech understanding One hundred and thirty-seven presbycusic 

participants aged 50 to 90 years were evaluated They were divided into four 

groups matched for equivalent pure-tone thresholds- 50 to 65 years. 66 to 70 

years, 71 to 75 years, and 76 to 90 years. Word recognition, SSI (Speak & 

Jerger, 1965), and SPIN (Kalikow et al., 1977) tests were administered. 

Generally, all measures showed some reduction in performance with age An 

omnibus multivariate analysts revealed a significant age effect and an age by 

group interaction. Individual analyses of variance by group for each speech 

measure revealed a significant age trend for only the SSI (i.e., a drop of 30% in 

• 



scores across the four age groups was observed). Jerger suggested that the 

results were inconsistent with the notion that subtle changes in peripheral 

hearing were responsible. His reasoning was that the scores on the 

monosyllabic tests should have been affected more severely since cochlear 

status affects single syllable recognition more than sentence recognition. The 

results are also inconsistent with a concomitant change in cognitive status as 

there were no significant correlations among administered neuropyschological 

indices and the SSI scores. 

The above review of literature suggests that speech understanding 

difficulties experienced by presbycusic listeners may be a consequence of 

peripheral hearing loss, ce "al auditory system dysfunction, and/or cognitive 

deficits. There does not appear to be convincing evide _ .hat one factor is 

alone responsible for the decline in performance observed. There is evidence 

to suggest that any one factor can exist in the absence of the others as well as 

being present in any combination. 

Temporal Resolution in the Presbycusic Listener 

Only in the last 10 to 15 years have researchers directed their attention to 

temporal auditory phenomena in the elderly. McCronsky and Kasten (1982) 

first reported clinical data on approximately 500 clients 20 to 80 years of age. 

They reported that their clients demonstrated increased detection intervals in an 

auditory fusion of two tones task particularly after the fifth decade. They also 

reported that response performance on rate-altered speech was differentially 

affected by age. Unfortunately, detailed methodology was lacking in the 

manuscript, and since hearing status was not reported it is difficult to determine 

if the detriment in performance was a function of aging or hearing loss. 

Several investigators have used masking paradigms to investigate 

temporal resolution among presbycusic listeners. Masking period patterns, 
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where prestimulus and poststimulus masking are presented together, were 

examined by Zwicker and Schorn (1982). Masking patterns were explored at 

500, 1500, and 4000 Hz. Reduced temporal resolution was found only at 4000 

Hz. It is likely that this pattern of performance was due to impoverished 

resolution in the high frequencies as a result of the loss of audibility. Newman 

and Spitzer (1983) utilized an auditory backward-recognition masking 

paradigm with 10 normal-hearing young Iisteners and 10 elderly listeners aged 

75 to 85. The elderly participants had normal age-adjusted threshold crteria 

(i.e., they had hearing impairment consistent for their age) Participants 

identified two equi-probable test tones (i e , 770 or 870 Hz) followed by a noise 

masker as a function of mterstimulus interval. It was reported that the elderly 

listeners achieved the same level of identification of the tones as the young 

listeners; however, they needed longer mterstimulus intervals to reach and 

maintain equivalent performance. As the stimuli were presented at one SPL, it 

is difficult to discern if the performance impairment observed among the elderly 

participants was a function of reduced sensation level or aging. Raz, Miiiman, 

and Moberg (1990) used a similar auditory backward-recognition masking 

paradigm with 11 normal-hearing young Iisteners and 11 elderly Iisteners aged 

61 to 80. Raz et al. employed a two-interval forced-choice, two-tone frequency 

discrimination array in an effort to reduce confounding effects of secondary 

memory for tones that may have plagued Newman and Spitzer's findings. Six 

target interstimulus intervals were utilized. The findings were similar to those of 

Newman and Spitzer in that younger Iisteners could escape from masking at 

shorter interstimulus intervals (i.e., elderly listeners were more vulnerable to the 

masking effects at equal interstimulus intervals). Again the findings are difficult 

to interpret as both groups differed on hearing sensitivity and therefore effects 

can not be attributed solely to aging. Finally, Cobb, Jacobson, Newman, 
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Kretschmer, and Donnelly (1993) reported a significant increase in target 

thresholds, in a 500 and 4000 Hz tone/maskee wideband noise/backward 

masker task, as a function of aging. Thirty-three listeners ranging in age from 

26 to 76 years participated. All participants had normal-hearing (i.e., thresholds 

< 25 dB HL from 250 to 4000 Hz). The Cobb at al. results indicated a 2, 4, 8, 

and 11 fold difference in target threshold values from the forth to fifth, sixth, 

seventh, and eighth decades, respectively. 

Some researchers have used auditory duration discrimination as a 

means to explore temporal selectivity in elderly listeners. S.L. Phillips, Gordon-

Salant, Fitzgibbons, and Yeni-Komshian (1994) investigated difference limens 

and backward interference of difference limens for a 40 ms, 1000 Hz test tone 

and a comparison tone of longer duration in a three-interval forced-choice task. 

In one experiment, difference limens were determined for ten elderly 

participants aged 65 to 80 years and 10 young normal-hearing participants. All 

participants had hearing thresholds < 20 dB HL. The older participants had on 

average overall poorer hearing sensitivity, however. There was no statistically 

significant difference between difference limens of both groups. In a second 

experiment, difference limens were again determined while a backward masker 

was introduced at three delay times of 80, 240, and 720 ms. A significant age 

by backward masker delay interaction was found. Younger participants' 

difference limens were better at the shortest delay. S.L. Phillips et al. concluded 

that elderly listeners have an impaired ability to process duration information 

when interfering stimuli are in close temporal proximity. "The findings add 

support to the notion that there is a slowed processing of the durational 

characteristics of acoustic signals in older listeners and that these age effects 

are revealed on tasks that increase the complexity of the stimulus paradigm" 

(S.L. Phillips et al., p.214). Fitzgibbons and Gordon-Salant (1994) investigated 

! 



1 40 

duration discrimination among young and elderly normal-hearing and hearing-

impaired Iisteners. Difference limens were measured for tone bursts centered 

at 500 and 4000 Hz and for silent intervals between the bursts Results 

revealed that the elderly participants had greater difference limens for both 

gaps and tones irrespective of hearing status. Similar results have been 

reported by Abel, Krever, and Alberti (1990). 

Lutman (1991) used gap detection to assess temporal resolution in 229 

Iisteners aged between 50 and 75 years Gap detection thresholds for a 

noiseband centered at 2000 Hz were reported to increase with increasing 

hearing threshold, however, no effect of age was found Moore, Peters, and 

Glasberg (1992) reported gap thresholds in sinusoids (100, 200, 400, 800, 

1000 and 2000 Hz) presented in background noise for elderly Iisteners with 

and without hearing loss Gap thresholds were similar between the two groups 

and most were comparable with data from younger Iisteners suggesting to 

Moore et al., as with Lutman, "reduced temporal resolution does not appear to 

be an inevitable consequence of aging" (p. 1923). von Wedel, von Wedel, and 

Streppel (1991) reported data to the contrary for listeners aged from 18 to 70 

years. That is, gap detection thresholds increased significantly as a function of 

age. Cortical evoked potentials in response to brief gaps or an incoherence in 

the signal were delayed in the elderly participants. Unfortunately von Wedel et 

al. did not report hearing sensitivity, and as a consequence, the findings cannot 

be interpreted to suggest an age effect causal to impaired temporal resolution 

performance in the elderly participants; hearing loss may have confounded the 

results. 

Cranford and colleagues have investigated the effects of aging on the 

precedence effect in sound localization. The precedence effect provides a 

means to examine the auditory system's ability to process binaural signals with 
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interaural temporal disparity. The effect is achieved by delivering two identical 

sounds from both sides of a listener, either by loudspeaker or earphone. The 

presentation of one sound leads the other by a short period of time (i.e., several 

hundred ms). The listener's perception is a lateralization of the sound source to 

the side of the leading sound while apparently being unaware of the iagging 

sound. In other words, the multiple inputs are not temporally resolved. When 

the separation between the leading and lagging sound exceeds a particular 

value, the listener perceives both sounds (i.e., they are temporally resolved). 

Thresholds, for the precedence effect, are defined by the value at which below 

the delay interval, listeners responds only to the leading sound while above 

they respond to both. In the group's first study (Cranford, Boose, & Moore, 

1990), two groups of 24 young (aged 20 to 46 years) and elderly (aged 62 to 78 

years) participants were examined. It was found, that for pairs of clicks 

presented from loud speakers, the elderly participants were poorer in correctly 

identifying the leading click sound for delays less than 0.7 ms. There was no 

significant correlation between participants' high-frequency pure-tone average 

and precedence performance. In a subsequent study (Cranford & Romereim, 

1992), performance-intensity functions for monosyllabic words and scores on 

the SSI (Speaks & Jerger, 1965) and precedence test values were comp dd 

among young and elderly participants. Findings with the precedence test 

performance paralleled those of the first study: there was no difference between 

the two groups with delays greater than 0.7 ms and there was no significant 

correlation between participants' high-frequency pure-tone average and 

precedence performance. The rollover indices for the monosyllabic words and 

SSI test were larger for the elderly participants. The SSi maximum 

performance and precedence performance were significantly correlated and the 

former was also not correlated with high-frequency pure-tone average. The 
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authors conclude that age-related speech understanding difficulties may be a 

consequence of impaired temporal acuity. 

In a series of experiments, Trainor and Trehub (1989) investigated the 

ability to order sequences of tones as a function of presentation speed and 

streaming context in two groups of 16 young (mean = 21 years) and elderly 

listeners (mean = 69 years). Two repeating sequences of four tones differing in 

order served as stimuli. In the first experiment listeners were required to identify 

the sequence. A second experiment required Iisteners to make a same or 

different judgment for two successive pattern presentations. In the third 

experiment, participants practice effects on performance were evaluated. In the 

final experiment, participants had to identify two four tone patierns tnat did not 

have a recycled pattern. The four tones varied in frequency by 178 Hz. In 

general, the findings showed "elderly adults were less able tha,i young adults to 

distinguish between sequences with contrasting orders, regardless of the speed 

of presentation, the nature of the task (identification vs. same/different), the 

amount of practice, the frequency separation of the tone, or the presence or 

absence of recycling" (Trainor & Trehub, 1989, p.417). Further, since there was 

no age by presentation speed interaction, the authors suggested "the presence 

of a specific age-related deficiency in temporal order discrimination that is 

independent of stream organization" (p.423). This type of temporal sequencing 

deficit was speculated to be related to speech understanding difficulties 

exhibited by elderly listeners. 

Price and Simon (1984) examined the perception of temporal differences 

in speech by two groups of 10 normal-hearing young adults aged 17 to 23 

years and older adults aged 61 to 73 years. Naturally-produced tokens of 

/raebtd/ were edited to create a vowel and silent duration continua. That is, the 

voiced closure interval in the original token was replaced with four silent 
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durations (35, 65, 95, and 125 ms) and the duration of the preclosing voiced /ae/ 

was manipulated to create four durations (160,180, 200, and 220 ms). The 

manipulation of the preceding vowel duration and consonant closure duration 

was undertaken to create intervocalic stop consonant linguistic distinctions. 

The voicing distinction is signaled by this temporal information and separates 

the pairs of words /raebid/ and /raepid/. The shorter vowel and longer closure 

duration characterize /raepid/ while the longer vowel and shorter closure 

characterize /raebid/. The silent durations and vowel durations created were 

within the range of naturally produced productions of the two words. Sixty four 

stimuli incorporating all vowel and silent closure combination were created from 

four original tokens. Stimuli were presented monaurally to the participants at 60 

and 80 dB HL. Participants responded if they heard either /b/ or /p/. Crossover 

points were established for an interpolated silent duration of 50% /p/ responses 

for each vowel duration. An analysis of variance revealed a mam effect of age, 

an age by intensity interaction, and age by vowel duration interaction That is, 

the older participants needed longer silent durations before responding 'raepid/ 

and this was particularly the case with shorter vowel durations and with the 

higher presentation level. It was concluded 'that age may affect the relative 

salience of different acoustic cues in speech perception, and that age-related 

hearing loss may involve deficits in the processing of temporal information, 

deficits that are not measured by standard audiometry" (Price & Simon, 1984, p. 

405). 

Temporal processing ability as assessed by modulation detection and 

modulation masking (a task demanding temporal envelope processing) was 

studied by Takahashi and Bacon (1992). Four groups of 10 listeners were 

employed: older listeners in each of three age groups, 50 to 59, 60 to 69, and 

70 to 76 years of age plus normal-hearing young adults. All of the older 
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participants had hearing losses characteristic of presbycusis In the first 

experiment, modulation detection thresholds were ODtained for a broadband 

noise for modulation frequencies between 2 and 1024 Hz. The older listeners 

were less sensitive to amplitude modulation; however the differences did not 

attain statistical significance. In the second experiment, the signal was 

amplitude-modulated at 8 Hz and presented in a 100% modulated masker 

ranging in modulation frequency from 2 to 64 Hz (i.e., modulation masking). 

Only the participants in their seventies displayed significantly poorer 

performance than the younger normal-hearing group The final experiment 

explored sentence understanding in broadband noise that was eithei 

amplitude-modulated or unmodulated. The speech signal was set at 70 dB 

SPL while the noise was manipulated to obtain S/Ns of 12. 8, 4, 0, -4, and -8 

dB. An analysis of variance revealed main effects of age group, S/N. and 

background condition and a significant S/N by background interaction. That is, 

participants performed better in the modulated background, participants 

performed better at higher S/Ns, the young listeners performed better than the 

older listeners, and the interaction reflected the fact that performance in the two 

background conditions tend to merge at favorable S/Ns. Takahashi and Bacon 

attributed the difference in performance between the young and older 

participants to differences in hearing sensitivity and not age per se. They 

concluded, based on the performances found in the three tasks, there were no 

significant effects of aging when hearing sensitivity was taken into account. 

Gordon-Salant and Fitzgibbons (1993) investigated the effects of speech 

recognition with temporal waveform distortion. Low-predictability sentences 

from the SPIN test were presented undistorted and distorted by time 

compression, reverberation or interruption. Four groups of participants were 

evaluated: young normal-hearing, young hearing-impaired, older normal-
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hearing, and older hearing-impaired. The etiology of the hearing loss in the 

o'der participants was presbycusis. They ranged in age from 65 to 76 years. 

Both normal-hearing groups had pure-tone thresholds < 15 dB HL. The 

hearing-impaired groups were matched for hearing sensitivity and word 

recognition performance in quiet. There were four degrees of distortion for each 

type of distortion: time compression at 30%, 40%, 50%, and 60%; reverberation 

at 0.2, 0.3, 0.4, and 0.6s; and interruptions at 12.5, 25 , 50, and 100/s. Analyses 

of percent correct speech recognition scores revealed that significant effects of 

age independent of the hearing loss on all three temporally distorted speech 

tasks. Younger participants performed better even when possible performance 

differences in the undistorted condition were covaried out. Gordon-Salant and 

Fitzgibbons concluded that the findings are consistent with the fact that age-

related factors other than reduced hearing sensitivity contribute to impaired 

speech understanding in presbycusic listeners. 

m summary, the overwhelming majority of studies have revealed poorer 

performance on tasks revealing auditory temporal phenomena among 

presbycusic participants. There is less agreement as to the nature of the deficit. 

That is, ara the performance detriments observed a consequence of the 

peripheral loss in hearing sensitivity or are there other age-related factors that 

also contribute independently? A number of studies comparing young and 

elderly listeners failed to control for differences in peripheral hearing status and 

can be dismissed. Other, more well-controlled studies have reported equivocal 

results. Some researchers have suggested that methodological variations 

contribute to the discrepant findings. Specifically, some measures may be more 

sensitive in revealing age-related changes independent of peripheral hearing 

sensitivity because the employed paradigm(s) stress the auditory system more 
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by being perceptually more demanding (e.g. Gordon-Salant, 1987; Humes & 

Roberts, 1990; Souza & Turner, 1994; Takahashi & Bacon, 1992). 

Employing the Interrupted Noise Paradigm with Presbycusic Listeners 

It was concluded above that the interrupted noise paradigm could reveal 

auditory temporal phenomena. Adequate temporal resolution is required as the 

listener must sustain the temporal gaps in the masker thereby taking advantage 

of the favorable S/Ns. The release from masking in interrupted noise must be 

limited by the auditory system's ability to resolve acoustic information in the 

silent gaps between the successive noise bursts. D.P. Phillips et al. (1994) 

originally suggested, with listeners suffering from noise-induced cochlear 

pathology, that a specifically temporal deficit in the cochlea could be 

independently demonstrated. They offered that the performance deficit 

displayed by noise-induced hearing-impaired listeners was a result of reduced 

available bandwidth. That is, "if listeners normally use high-frequency cochlear 

output channels for the detection of transient stimulus amplitude fluctuations ... 

and those channels are rendered insensitive by pathology, then the temporal 

deficit might be the consequence of the hearing-impaired listener being forced 

to use only low-frequency cochlear output channels" (D.P. Phillips et al., p. 684). 

It stands to reason that listeners suffering from presbycusis should display a 

similar performance deficit in interrupted noise relative to normal-hearing 

listeners. That is, if inferior performance is related to restricted listening 

bandwidth, specifically a loss of high-frequency cochlear output channels that 

have the best temporal resolution, then listeners with presbycusis should 

display performance detriments as their audiometric configuration is typically a 

high-frequency sloping cochlear loss. 

Word recognition and repetition involve processing on multiple levels 

(e.g., Phillips, 1995). Maskers with time-varying envelopes are speculated to be 
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more sensitive in revealing deficits in speech understanding in noise. The 

deficits revealed need not necessarily be peripheral in nature. This has been 

confirmed by two independent sources. Middelweerd, Festen, and Plomp 

(1990) examined a group of 15 individuals with complaints of speech 

understanding in noise. Their hearing sensitivity was normal and otological 

history unremarkable. Speech reception thresholds for sentences were 

examined in steady state and fluctuating masking noise. The latter noise had a 

modulation waveform equivalent to running speech. Performance in fluctuating 

noise revealed the greatest difference between the patient group and a normal 

control group. Middelweerd et al. suggested that the performance difference 

observed in the fluctuating noise with the patients was a consequence of an 

inability to utilize the periods in the fluctuations in which speech is present at 

more favorable S/Ns; that is, wanting temporal resolution. As the participants 

peripheral auditory function was normal, as revealed by pure-tone thresholds 

and word recognition in quiet, one could suggest that the nature of the deficit as 

revealed in their performance in fluctuating noise must be "central" in nature. 

This is assuming that normal pure-tone thresholds and word recognition 

performance in quiet truly reflect normal peripheral auditory function. 

In another study, Rappaport, Gulliver, Phillips, Van Dorpe, Maxner, & 

Bhan (1994) evaluated 12 patients with multiple sclerosis confirmed by 

magnetic resonance imaging. All 12 patients had demyelinating lesions in the 

auditory system: seven with lesions in the rostral auditory fiber tracts and the 

remaining five with lesions restricted to the auditory brainstem. All patients 

displayed essentially normal-hearing sensitivity to 4000 Hz. Five patients had 

mild losses at 6000 and/or 8000 Hz. Patients were assessed with a battery of 

audiometric tests including the D.P. Phillips et al. (1994) interrupted noise 

paradigm (i.e., word recognition performance-intensity functions in continuous 
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and interrupted broadband noise). The patients suffering from multiple 

sclerosis displayed equivalent performance relative to normal-hearing young 

adults under the continuous noise; however, the performance in the interrupted 

noise was significantly impaired. The researchers conclude this pattern of 

performance was consistent with a temporal processing deficit Again, as the 

patients' peripheral auditory function was normal, one can conclude that the 

deficit has to be central in nature Considering the findings of D P. Phillips et al 

and Rappaport et a l , one may suggest that the interrupted noise paradigm can 

expose temporal resolution deficits of various etiologies, both peripheral and 

central in nature. 

This lat '•observation seems intriguing considering the nature of the 

temporal defi<„ •. observed in presbycusis That is, several researchers have 

suggested that performance detriments observed on temporal resolution tasks 

may be a consequence of other age-related factors that contribute 

independently from the peripheral hearing loss in presbycusic listeners (e g., 

Fitzgibbons & Gordon-Salant, 1994, Gordon-Salant & Fitzgibbons, 1993, S L 

Phillips et al., 1994, Price & Simon, 1984) It appears that the interrupted noise 

paradigm may be employed to reveal not only expected deficits in temporal 

processing associated with the peripheral hearing loss in presbycusic Iisteners 

but also any deficit that may be a consequence of central factors independent of 

the peripheral pathology. 

To address this speculation it was proposed that the word recognition in 

noise paraaigm developed by D P. Phillips and colleagues (D.P Phillips et al, 

1994; Rappaport et al., 1994) be employed. Specifically, in a second 

experiment of this dissertation, performance-intensity functions for word 

recognition in continuous and interrupted broadband noise as a function of S/N 

were examined between young normal-hearing adults, cognitively-mtact older 
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normal-hearing adults, and cognitively-intact age-matched presbycusic adults. 

It was speculated that performance differences revealed by this quantitative 

speech-in-noise paradigm could reveal the contribution of any peripheral and 

central temporal resolution deficits towards word recognition performance. That 

is, performance differences between the young normal-hearing adults and 

elderly normal-hearing adults may reflect aging per se while the performance 

differences between the elderly normal-hearing adults and elderly hearing-

impaired adults may reflect presbycusis per se. 

Two additional studies were also proposed. In their previous studies 

D.P. Phillips et al., (1994) and Rappaport et al. (1994) employed either 40 or 50 

SL presentation levels for the monosyllabic stimuli and varied the noise stimuli 

levels around those levels. As many hearing-impaired listeners often suffer 

from loudness recruitment, it was deemed that such presentation levels would 

be intolerable for the presbycusic listeners. This would be undoubtedly true in 

the adverse S/Ns (i.e., -15 and 20 dB). It was submitted that normative data 

needed to be generated at a lower sensation level of presentation. A third 

experiment of this dissertation addressed this concern and compared young 

normal listeners performance in continuous and interrupted noise at two 

sensation levels. The final experiment addressed the notion of "normal" 

hearing older listeners. What constitutes a normal-hearing elderly listener has 

been a concern for many (e.g., Gordon-Salant, 1987; Marshall, 1981; Working 

Group on Speech Understanding and Aging, 1988). Numerous researchers 

have employed normal-hearing elderly listeners. The typical operating 

definition for normal-hearing elderly listeners is that they require pure-tone 

hearing thresholds of < 25 or 20 dB HL (e.g., Cobb et al., 1993; Fitzgibbons & 

Gordon-Salant, 1994; Gordon-Salant & Fitzgibbons, 1993: S.L. Phillips et al., 

1994). Clearly many studies have ignored hearing sensitivity at frequencies 
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above 4000 Hz. The most obvious reason is practical- virtually al! elderly 

listeners have some loss of hearing sensitivity above 4000 Hz To msist on 

hearing thresholds within a normal range to 6000 or 8000 Hz would preclude 

the overwhelming majonty of older individuals. Yet when one observes 

performance differences between normal-hearing young adults and normal-

hearing older adults, the question that begs to be answered is "Are these 

performance differences a reflection of age per se or differences in hearing 

sensitivity above 4000 Hz?" The final experiment addressed *his issue 

subsequent to findings in the third experiment 
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Chapter 1 

Word Recognition Performance in Continuous and Interrupted Broadband 

Noise by Normal-Hearing and Simulated Hearing-Impaired Listeners 

In this study, it was hypothesized that a listener's performance on a 

temporal resolution task should be governed by the functional capacity of the 

high-frequency region of their cochlea since this is the population of high-

frequency cochlear output channels that has the best temporal resolution. 

Specifically, normal-hearing participants should exhibit a detriment in 

performance akin to thai of hearing-impaired listeners if listening is relegated to 

low-frequency channels that have inherently inferior temporal resolution. If that 

is the case, one would predict that normal-hearing listeners, with a simulated 

high-frequency hearing loss, should display comparable patterns of impaired 

performance on the same task as that employed by D.P. Phillips et al. (1994). If 

such a performance deficit is found, then one may conclude that the hearing-

impaired listener's performance is attributable to their selective use of low-

frequency cochlear channels, which may well be normal, but have poorer 

temporal resolution. If a performance deficit is not evident then one must 

conclude that abnormal temporal processing found with hearing-impaired 

Iisteners must be a consequence of their continued use of the impaired 

sector(s) of the cochlea. The purpose of this study was to investigate this 

speculation by comparing normal-hearing participants' performance in 

continuous and interrupted broadband noise as a function of S/N with and 

without a simulated high-frequency hearing loss. 

Method 

Participants 
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Twelve young adult university undergraduate and graduate students (M 

= 23.8 years, SD = 1.8; three males and nine females) served as participants. 

All participants presented with normal-hearing sensitivity defined as having 

pure-tone thresholds at octave frequencies from 250 to 8000 Hz and speech 

reception thresholds (SRTs) of < 25 dB HL (American National Standards 

Institute, 1989). The group mean SRT was 6.7 {SE= 1.4). As well, all 

participants presented with normal middle ear function (American Speech-

Language-Hearing Association, 1990). 

Stimuli 

The test stimuli consisted of custom two channel stereo cassette tape 

recordings of lists one to four of the Northwestern University Auditory Test No 6 

(NU-6). The stimuli contained in each NU-6 list were 50 monosyllabic words 

having a consonant-nucleus-consonant construction. They are based on 

stimulus items originally developed by Lehiste and Peterson (1959) Initially, 

the Northwestern University Auditory Test was comprised of two lists (Tillman, 

Carhart, & Wilber, 1963). However, it was later expanded to four 50 word lists 

(Tillman & Carhart, 1966) employed in this study. The competing stimuli were 

continuous or interrupted broadband noise. 

The custom recordings were developed by first transferring compact disk 

femala talker recordings of the NU-6 lists (Department of Veterans Affairs, 1989) 

onto an IBM compatible computer's (Zenith Model Z-386/20) hard drive via a 

compact disk player (Sony Model 608ESD) interfaced with an analog 

input/output board (Dalanco Spry Model 250). The word lists were then edited 

to remove the carrier phrase and to reduce the interstimulus intervals from 4.2 to 

3.0 s. 

The competing continuous broadband noise was generated by the 

computer. A 10 s segment of the noise file was examined using signal 
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processing software (Signal Technology Inc. Model Interactive Laboratory 

System V6.1) to confirm that the noise spectrum was "flat" within two dB from 

100 to 8000 Hz. A copy of the broadband noise file was then interrupted, 

employing a rectangular on/off envelope such that the durations of the noise 

bursts, and of the silent periods between them, were vaned randomly from 5 to 

95 ms, to create the interrupted noise stimuli. The temporal duration of the 

noise was selected to mimic the acoustic elements of speech (i.e., several ms to 

tens of ms representative of consonant bursts to steady state vowels, 

respectively). The randomization of the gating of the noise was chosen to 

eliminate any pitch percept that may possibly arise from periodic modulation of 

the masker which may be employed as a cue to segregate signal and noise by 

the listener. The noise time-fraction (i.e., the proportion of time occupied by the 

noise) for the interrupted noise files was 0.50. All speech and noise files were 

then normalized to have equal power.2 Two calibration tones were then 

generated, one at full scale and the other at the normalized power level (i.e., 0 

dB signal-to-noise level). The full scale calibration was utilized to ensure no 

overloading within the recording/playback chain. 

As the software with the analog input/output board only permitted single 

channel recording and playback, the process of playback from the computer 

and recording onto tape was automated using a time-code based recording 

signal to ensure synchronization of the speech and noise files. Two video 

cassette recorders (VCRs) were employed (Panasonic Models PVS 4960 and 

AG-1960): The first recorded the noise files and the second was used to 

combine the noise and speech files. A time-code synchronization signal was 

first recorded onto both channels of the first VCR. That VCR was set to play 

back the tape, with the time-code signal to the computer. The computer in turn 

used the signal to precisely control the playback of the noise files. The time-
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code signal was then recorded from the first VCR onto the right channel of the 

second VCR while the noise was recorded from the computer onto the left 

channel. The process was then repeated to combine the speech and noise 

files. The second VCR was set for playback, with the time-code signal from the 

right channel sent to the computer with the noise files from the left channel 

recorded onto the left channel of the first VCR. The computer agam used the 

time-code signal to control the playback of the speech files, which were 

recorded onto the right channel of the first VCR. The resulting final tape, 

recorded by the first VCR, was a synchronized combination of speech and noise 

files on separate channels. This final VHS tape was employed to produce 

cassette tape copies for experimental use. 

All editing, noise generation and interrupting, sigml power measurement 

and normalization, calibration tone generation, and time-code automated 

playback from the hard disk was accomplished with custom software. The 

sampling frequency for all these computer based operations was 20000 Hz 

giving an effective bandwidth of 8000 Hz, 

To ensure that signal levels were maintained during recording onto the 

cassette tapes, the VCRs and recording stereo cassette tape deck (Sony Model 

TC-K81) were calibrated in terms of level and frequency response. Recording 

levels were set using the full scale calibration tone to prevent overload. No 

noise reduction systems were used on the cassette deck. 

Examples of the amplitude envelope of a NU-6 word stimulus, 

continuous broadband, and interrupted noise are given in Figures 2 to 4 

respectively. Digital 16-bit samples were obtained by transferring portions of 

the cassette tape recordings onto a personal computer's (Apple Mode! Quadra 

700) hard drive via a stereo cassette deck (JVC Model DD-V7) interfaced with 

an analog to digital input/output board (Digidesign Model Audiomedia NuBus). 
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Sampling frequency was 22050 Hz The amplitude envelopes were generated 

by a commercially available speech and sound signal analysis program 

(IntoSignal Inc. Model Signalyze 3 0) A Fast Fourier Transfer spectral analysis 

of the noise samples was also undertaken Samples were routed in series from 

the same stereo cassette deck and computer to an amplifier (Yamaha Model 

AX-630) and an insert earphone (Etymotic Research Model ER-3A) The 

earphone was coupled with 15 mm of # 13 thick-walled tubing and an ear-level 

hearing aid adapter to a standard 2 cm3 HA-2 coupler A Fonix 6500 Hearing 

Aid Test System (Frye Electronics) was employed to measure 2 cm3 coupler 

oitput. Noise samples were captured in real time employing the system's 16 

sample noise reduction capability Sampling was obtained between 200 and 

8000 Hz in 100 Hz steps It was assured that the 2 cm3 coupler output in that 

range exceeded the noise floor of the system (approximately 50 dB SPL) 

Digital hard copies of the data were ootamed Two samples of each noises 

were collected and averaged The root-mean-square amphtuae of the 

continuous and interrupted broadband noises are displayed in Figure 5 As 

evident in Figure 5, the amplitude spectra of tne noises are essentially 

equivalent 

Apparatus 

A double wall sound-treated audiometric suite (Industrial Acoustics 

Corporation), meeting specifications for permissible ambient noise (American 

National Standards Institute, 1977) served as the test environment The 

recorded stimuli were routed from a stereo cassette deck (AKAI Model GX-R66) 

to a clinical audiometer (Grason Stadler GSI 10 Model 1710-9700) and 

presented to eacn participant through an insert earphone (Etymotic Research 

Model ER-3A) All noise reduction and filter systems on the stereo cassette 

deck were in the off position during testing 
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During the filtered listening conditions (i.e , simulated hearing-

impairment) the recorded stimuli were routed from the cassette deck through a 

passive analog filter (Krohn-Hite, Model 3340) pnorto input into the audiometer 

The signal was lowpass filtered, at 2000 Hz with a rolloff slope of 48 dB/octave, 

to simulate a high-frequency hearing loss. This choice of filter cutoff and rolloff 

slope was employed in an effort to mimic the "mean" audiometric configuration 

of the listeners used by D.P. Phillips et al (1994) 

Procedure 

Testing was undertaken in two separate sessions separated for logistic 

reasons by several months. During both sessions participants were presented 

with the identical NU-6 stimuli at 50 dB SL re- their respective SRTs The 

speech stimuli were presented in quiet and in both noise (continuous 

broadband and interrupted) conditions with S/Ns of 10, 5, 0. -5, -10, -15, and 

-20. In the first test session participants listened in the unfiltered condition while 

in the second session they listened in the lowpass filtered condition (i.e., 

simulated high-frequency hearing loss) The presentation order of lists, noise 

condition, i nd S/N was determined with a Latin square design. All test stimuli 

and noise competitors were presented monaurally to the participants' right ear 

Participants were presented with the identical NU-6 stimuli in both test sessions 

Instructions to participants m this and subsequent experiments are found in the 

Appendix. 

Results 

Participants' responses were scored as total whole word percent correct. 

Mean word recognition performance in quiet was 93.2 % (SE = 0 97) and 86.8 

% (SE= 1.9) for the unfiltered and filtered listening conditions respectively. 

Mean scores as a function of noise type, filtered versus unfiltered condition (i e , 

simulated hearing loss vs. normal listening), and S/N are shown in Figure 6 As 
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Figure 6: Mean percent correct word recognition score in continuous and 

interrupted broadband noise as function of Auditory Condition (i.e., 

unfiltered and simulated hearing loss via lowpass filtering at 2000 Hz) 

and S/N (n =12). Error bars represent plus/minus one standard error 

of the mean. 
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evident in Figure 6, participants exhibit typical sigmoid performance-intensity 

functions for the continuous and filtered continuous noise conditions In 

contrast, participants demonstrated shallower performance-intensity functions in 

the interrupted noise conditions with overall superior performance under 

adverse S/Ns relative to the continuous noise conditions 

The participants' proportional scores were transformed to "rationalized' 

arcsine units (Studebaker, 1985) pnorto subjecting them to inferential statistical 

analyses This simple linear arcsine transformation is recommended as 

"proportional data are not well suited to inferential statistics because the means 

and the variances of such data are correlated" (Studebaker, p 461) 

Rationalized arcsine units (RAUs) are more attractive than arcsine units as the 

former are numerically closer to the original percentage values while at the 

same time retain all of the desirable statistical properties of me latter 

With respect to mean word recognition performance in quiet a 

statistically significant difference was found oetween the two groups, f (11) = 

3 07, p = 011 That is, word recognition performance in quiet was superior in 

the unfiltered condition versus the filtered condition Separate two factor within 

subjects analyses of variances (ANOVAs) were undertaken to investigate mean 

word recognition performance differences as a function of Auditory Condition 

(i e., filtered vs unfiltered listening) and S/N for both continuous and interruptea 

broadband noise conditions The results of each separate ANOVA are 

presented in Tables 1 and 2 Not surprisingly, a significant main effect was 

observed for S/N with both continuous broadband and interrupted oise 

conditions (p < .05) In other words, irrespective of noise condition, 

performance increased with increases in S/N As the effect of S/N on word 

recognition performance is well established, no additional post hoc analysis of 

the main effect was undertaken. A significant mam effect for Auditory Condition 
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Table 1 

Summary table for the two-factor within-subjects ANOVA investigating word recognition performance in continuous 

broadband noise as a function of Auditory Condition (i.e., unfiltered vs. filtered listening) and S N. 

Source Sum of Squares df Mean Square 62 

Auditory Condition 

Error 

S/N 

Eror 

Auditory Condition X S/N 

Error 

218.97 

998.89 

1080.66 

6972.00 

642.24 

3286.17 

1 

11 

6 

66 

6 

66 

218.97 

90.81 

36846.78 

105 64 

107 04 

49 79 

2 41 

348 81 

2 15 

/49a 

0001*° 

0591c 

.056 

.96 

.039 

Note, p values following a Geisser-Greenhouse and Huynh-Feldt correction are a.149, .149; D.0001, .0001; and c.114, 

.0875 respectively. 

* considered significant at p <̂  .05. 
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Table 2 

Summary table for the two-factor within-subjects ANOVA investigating word recognition performance in interrupted 

broadband noise as a function of Auditory Condition (i.e.. unfiltered vs filtered listening) and S N 

Source Sum of Squares df Mean Square F <&2 

Auditory Condition 

Error 

S/N 

Error 

Auditory Condition X S/N 

Error 

4687.37 

1660.80 

36925.52 

4644.97 

187.93 

2419 49 

1 

11 

6 

66 

6 

66 

4687 37 

150 98 

6154.25 

70.38 

31 32 

36 66 

31 05 .0002*a .56 

87 44 .0001*b 86 

85 .533c .00 

Note, p values following a Geisser-Greenhouse and Huynh-Feldt correction are a.0002, .0002; D.0001, .0001: and 

c.484, .518 respectively. 

* considered significant at p < .05. 
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was only observed in the interrupted noise (p < .05). That is, superior 

performance was exhibited for the interrupted versus the filtered interrupted 

noise condition while no difference in performance was found between the 

continuous and filtered continuous noise conditions. No interactions o' main 

effects were significant in either noise condition (p > .05). Relative treatment 

magnitude sizes3 (i.e., the proportion of variation "explained" or "accounted" for 

by the independent variable) are indexed in both Tables by parti?1 omega 

squared (\(h2} Keppel, 1991, Keren & Lewis. 1979)4 

Discussion 

This study demonstrates that normal-hearing listeners perform differently 

under conditions of continuous and interrupted broadband noise. Furtner, a 

detriment in performance among normal-hearing listeners with a simulated 

high-frequency hearing loss was only manifested in the interrupted noise 

condition. The performance of the norma! participants in the filtered (i.e. 

simulated hearing loss) an^ unfiltered conditions parallels D.P. Phillips et al. 

(1994) findings with their noise-induced hearing loss and normal-hearing 

groups respectively. These fmdings are also consistent wLh previous reports 

documenting normal listeners' improved speech understanding performance i.i 

an interrupted noise condition (Calearo et al., 1962: Dirks et al., 1969; Howard-

Jones & Rosen, 1993; Miller, 1947; Miller & Lickliaer, 1950; Pollack, 1954, 

1955: Punch, 1978; Wilson & Carhart, 1969) and with NU 6 stimul1 ana other 

phonetically-balanced word lists m continuous broadband noise with similar 

S/Ns (Keith & Talis, 1972; Humes, Bess, & Schwartz, 1978; Olsen, Noffsinger, & 

Kurdziel, 1975; Rintelmann, et al., 1975; fiivp & Phillips, 1969; Rupp, Phillips, 

Briggs, Rossman, Goldsmith. Rosner, « Doyle, 1977- Scnwartz, Bess, & Larson, 

1977; Wilson, Caley, Haenel, & Browning, 1975). In otner words, the expected 
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release from masking was observed for the interrupted broadband noise 

relative to continuous broadband noise masking 

The findings of a slight, albeit statistically significant, detriment in 

performance in the filtered versus unfiltered listening condition in quiet is 

consistent with the effects of lowpass filtering on the intelligibility of speech 

(Egan & Wiener, 1946; French & Steinberg, 1947; Pollack, 1948). It is 

somewhat surprising that the filtered listening performance in the continuous 

noise was not significantly worse than the unfiltered condition Several studies 

have reported a loss of speech intelligibility in noise with lowpass filtered 

listening among normal hearing Iisteners (e g., Aniansson, 1974. Egan & 

Wiener: Pollack) The dissimilarity of this study may be a consequence of 

different filtering characteristics u e , slope md cutoff frequency! and/or 

differences between speech material languages For example compare mean 

percent correct scores of 94 and 74% from Aniansson for a S N of 0 dB with 

continuous noise with unfiltered and filtered listening versus 64% and 63% from 

this study Aniansson employed Swedish participants and utilized a 2300 Hz 

lowpass filter cutoff having a slope of 24 dB,octave. 

D P. Phillips et al (1994) originally hypothesized that performance 

superiority in the interrupted no<se conditions retlected listeners' ability to 

resolve auditory information m the gaps between the noise bursts. This notion 

has been expressed be'ore. "Intelligib'lity remains high even at very 

unfavorable S-'N ratios, since the listener is apparently given sufficient looks.. 

in the intervals between noise bursts" (Dirks et a!, 1969, p 904) This 

explanation seems plausible as the competing continuous broadband and 

interrupted noise signals are virtually identical m spectral content and differ only 

in their temporal envelope characteristics, it was hypothesized that if the D.P 

Ph'llips et al paradigm does indeed tax temporal resclving capacities, listeners 
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with impoverished temporal resolution should exhibit a decrement in 

performance relative to normal listeners in the interrupted noise. This was, in 

fact, demonstrated with the participants in this study, who as a consequence of 

lowpass filtering should demonstrate reduced temporal resolution, and by D.P. 

Phillips et al., with hearing-impaired participants, who as a consequence of their 

high-frequency elevated thresholds, should demonstrate reduced temporal 

resolution. These similarities between normal listeners with a simulated 

hearing-impairment and hearing-impaired listeners suggest that both groups 

are handicapped by being compelled to use exclusively their low-frequency 

auditory channels which have inherently poorer temporal resolution. This 

finding is consistent with previous findings that show that normal-hearing 

participants, with simulated hearing losses, perform on temporal resolution 

tasks comparably with hearing-impaired participants (Arlinger & Dryselius, 

1990; Bacon & Viemeister, 1985; Buus & Florentine, 1985; Humes, 1990). This 

hypothesis is even more convincing when one considers that there were no 

performance differences in the continuous broadband noise condition between 

the normal-hearing participants with and without a simulated hearing loss in this 

study and between normal and noise-induced hearing loss participants in the 

D.P. Phillips et al. study. 

One may argue that the findings of between group listening performance 

differences may be understood without needing to invoke temporal resolution 

per se. They may be explained as a consequence of lost audibility in the 

spectral domain (B.C.J. Moore, personal communication, July 25,1995): In the 

unfiltered listening condition performance in continuous noise worsens as S/N 

worsens. This is a consequence of the high frequency followed by the middle 

and low frequency components of the speech signal being masked. For the 

filtered listening condition, performance in continuous noise is slightly impaired 
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at the highest S/Ns as a consequence of a loss of high-frequency audibility (see 

Figure 6). Performance converges to that of the unfiltered listening when S/N 

worsens and proceeds to decrease as the middle and low frequency 

components of the speech signal become masked. In the interrupted noise, 

performance in both the filtered and unfiltered listening conditions is superior 

due to "glimpsing" in the interruptions of noise. The performance in the filtered 

listening condition is poorer as the high frequencies are inaudible. The deficit 

produced by mis filtering is relatively independent of S/N. The middle and low 

frequency components may still be glimpsed. The fact that lowpass filtering 

does not impair performance to a greater degree suggests that temporal 

resolution is as good at the middle and low frequencies. 

Although the argument has some intuitive appeal it appears flawed 

First, in the filtered listening condition, performance in continuous noise is not 

impaired at the highest S/Ns nor does it converge to that of the unfiltered 

listening at lower S/Ns (see Figure 6). The reality is that the ANOVA failed »o 

reveal a main effect of Auditory Condition or an Auditory Condition by S/N 

interaction. To talk about separate data points outside of the analysis and draw 

conclusions is conjecture. If one were to suggest filtered listening performance 

ras governed by reduced audibility in the high frequencies then two patterns 

hould emerge: Performance, relative to unfiltered listening, should be impaired 

at the highest S/Ns and then converge as S/N worsens. This would be a result 

of high frequency components of the speech signal being inat rib'e initially 

(from lowpass filtering) followed by masking of the middle then low fiequency 

components as S/N worsens. This should be the case for both noise 

conditions. Such a behavioral pattern would be reflected in significant main 

effects of Auditory Condition and S/N along with an Auditory by S/N interaction 

being revealed by the ANOVA for both noise conditions This was not the case 
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with the present data. As such, one is compelled to accept the argument that 

participants in this study, as a consequence of lowpass filtering, demonstrated 

reduced temporal resolution as they were obliged to use exclusively their low-

frequency cochlear channels which have inherently poorer temporal resolu;ion. 
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Chapter 2 

Word Recognition Performance in Continuous and interrupted Broadband 

Noise by Normal-Hearing Listeners at Two Sensation Levels 

In the first experiment stimuli were presented at 50 dB above participants' 

SRTs. It was observed, as with Phillips and colleagues who presented their 

stimuli at 40 dB SL (Phillips et al., 1994; Rappaport et al., 1994;, that some 

normal-heaiing participants report that the stimuli presentation level was 

uncomfortable, specifically in the adverse S/Ns (i.e., -15 and 20 dB^ As many 

hearing-impaired listeners suffer from loudness recruitment, it wis deemed that 

a 50 dB SL presentation level would be intolerable. Toward that end it was 

decided that a 30 dB SL presentation level would be acceptable for hearing-

impaired listeners. Previous pilot work had suggested that this was an 

appropriate level. 

To the best of the author's knowledge, there have been no reports of the 

effect of sensation level on word recognition perfcnance in interrupted 

broadband noise while only one study has reported the effect of sensation level 

on word recognition performance in continuous broadband noise Rupp et al 

(1977) studied the word recognition performance of 20 college students, for 

monosyllabic CID W-22 word list stimuli presented monaurally in continuous 

broadband noise. Two sensation levels (30 and 50 dB) and two SNs (0 and 

-10 dB; were employed The findmgs revealed that performance was 

essentially equivalent at both sensation levels: Mean word recognition scores 

were at 58.8% and 18.5% at 30 dB SL versus 58 8% and 17 2% at 50 dB SL fo» 

S/Ns of 0 dB and -10 dB, respectively 

In the secono experiment normal-hearing contrcls were retested at both 
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sensation levels to assess the effect of presentation level on word recognition 

performance-intensity functions in both continuous and interrupted broadband 

noise. The purpose of the experiment was twofold: One, to compare the 

performance-intensity function differences at 30 and 50 dB SL among normal-

hearing listeners, and two, to generate normative data at the 30 dB SL as a 

bench mark to compare hearing-impaired listeners' performance in subsequent 

experiments. 

Method 

Participants 

Two groups of 12 young adult university undergraduate and graduate 

students served as participants. Group 1 consisted of 4 males and 8 females (M 

- 24.9 years, SD =3.1) while Group 2 consisted of 5 and 7 males and females 

(M = 24.8 years, SD = 3.0), raspectively. All participants presented with normal 

hearing sensitivity defined as having pure-tone thresholds at octave 

frequencies from 250 to 8000 Hz and SRTs of < 25 dB HL (American National 

Standards Institute, 1989). The mean SRTs for Group 1 and 2 were 7.9 (SD = 

0.96) and 6.7 (SE= 1.1), respectively. All participants presented with normal 

middle ear function (American Speech-Language-Hearing Association, 1990). 

Stimuli 

The test stimuli consisted of tne same custom two channel stereo 

cassette tape recordings of NU-6 lists one to four described in the previous 

experiment. As well, the competing stimuli were the continuous or interrupted 

broadband noise. 

Apparatus 

The same double wall sound-treated audiometric suite (Industrial 

Acoustics Corporation) served as the test environment. The recorded stimuli 

were routed from a stereo cassette deck (AKAI Model GX-R66 or JVC Model 
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DD-V7) to a clinical audiometer (Grason Stadler GSI 10 Model 1710-9700) and 

presented to each participant through an insert earphone (Etymotic Research 

Model ER-3A). All noise reduction and filter systems on the stereo cassette 

deck were in the off position during testing. 

Procedure 

Testing was undertaken in one session of approximately one hour in 

duration. Participants were presented with the identical NU-6 stimuli. Group 1 

received the stimuli at 30 dB SL re their respective SRTs while Group 2 at 50 dB 

SL re their respective SRTs. The speech stimuli were presented in quiet and in 

both broadband noises (continuous and interrupted) conditions with S/Ns of 

10, 5, 0, -5, -10, -15, and -20. The presentation order of lists, noise condition, 

and S/N was determined with a Latin square design Ail test stimuli and noise 

competitors were presented monaurally to the right ear of each participant. 

Participants in both groups were presented with identical NU-6 stimuli. 

Results 

Participants' responses were scored as total whole woid percent correct 

Mean word recognition performance in quiet was 92 3 % (SE =11) and 94 7 % 

(SE = 1 1) for Group 1 and 2, respectively. Mean scores as a function of 

Auditory Condition (i.e. 30 dB SL vs. 50 d& SL) and S/N are shown in Figure 7. 

Participants in both groups displayed typical sigmoid performance-intensity 

functions in the continuous noise condition. As in the previous exoenment, 

performance improved in the interrupted noise condition for both groups. 

Shallower performance-intensity functions were also evident in the interrupted 

noise. 

Prior to subjecting the participants' proportional scores to inferential 

statistical analyses they were transformed to RAUs (Studebaker, 1985) With 

respect to mean word recognition performance in quiet, no statistically 
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Figure 7: Mean percent correct word recognition score as function of Auditory 

Condition (i.e., :.o dB SL vs. 50 dB SL) and S/N [n = 12). Error bars 

represent plus/mim.* one standard error of the mean. 



Table 3 

Summary table for the mixed two-factor within-subjects ANOVA investigating word recognition performance in 

continuous broadband noise as a function of the Auditory Condition between-group factor (i.e., 30 dB vs. 50 dB SL) and 

the S/N within-group factor. 

Source Sum of Squares df Mean Square P <&2 

Auditory Condition 

Error 

S/N 

Auditory Condition X S/N 

Error 

41.90 

1382.50 

255536.86 

307.53 

8788.04 

1 

22 

6 

6 

132 

41.90 

62.84 

42589.48 

51.26 

66.58 

.67 

639.71 

.77 

423 

<.0001*a 

.595b 

.00 

.92 

.00 

Note, p values following a Geisser-Greenhouse and Huynh-Feldt correction are a .0001, .0001; and D.569, .595 

respectively. 

* considered significant at p < .05. 
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Table 4 

Summary table for the mixed two-factor within-subjects ANOVA investigating word recognition performance in 

continuous broadband noise as a function of the Auditory Condition between-group factor (i.e., 30 dB vs. 50 dB SL) and 

the S/N within-group factor. 

Source Sum of Squares df Mean Square F D 632 

Auditory Condition 

Error 

S/N 

Auditory Condition X S/N 

Error 

1882.03 

3337.30 

39121.44 

477.96 

6865.98 

1 

22 

6 

6 

132 

1882.03 

151.70 

6520.24 

79.66 

52.02 

12.41 

125.35 

1.53 

.0019 

<.0001*a 

.173b 

.19 

.69 

.0094 

Note, p values tollowing a Geisser-Greenhouse and Huynh-Feldt correction are a.0001, .0001; and b.191, .173 

(probability was not corrected as the epsilon value was greater than one) respectively. 

* considered significant at p < .05. 
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significant difference was found between Group 1 and 2, t (22) = -1.55, p = 

.136. In other words, there was no effect of SL presentation on word recognition 

performance in quiet. To investigate mean word recognition performance 

differences as a function of Auditory Condition (i.e., 30 dB SL vs 50 dB SL) and 

S/N for both continuous and interrupted broadband noise conditions, separate 

mixed two-factor ANOVAs were undertaken. The results of each ANOVA are 

presented in Tables 3 and 4, respectively. A significant main effect was 

observed for S/N in both continuous and interrupted broadband noise 

conditions (p < .05). Again, performance increased with increases in S/N 

regardless of noise condition. A significant main effect for Auditory Condition 

was only observed in the interrupted noise condition (p < .05). That is, 

performance was higher for the 50 versus 30 SL for the interrupted ncise 

condition only. No interactions of main effects were significant in either noise 

condition (p > .05). Relative treatment magnitudes are indexed in both Tables 

by partial omega squaiad ((b2, Keppel, 1991; Keren & Lewis, 1979) 

Discussion 

The findings of this experiment were threefold: First, to no surprise, there 

was no effect of SL presentation on word recognition performance in quiet. It 

has been established that word recognition maximum performance typically 

peaks at 20 to 30 dB SL re the listener's SRT (Beattie, Edgerton, & Svihovec, 

1977; Rintelmann et al., 1975; Tillman & Carhart, 1966; Tillman & Olsen, 1973; 

Wilson et al., 1975). One would not expect any performance-intensity function 

"rollover" in normal-hearing listeners with the change in presentation level 

employed in this experiment (e.g., Bess, Josey, & Humes, 1979; Dirks, Kamm, 

Bower, & Betsworth, 1977; Jerger & Jerger, 1971\ In other words, maximum 

word recognition performance should be established at the 30 SL presentation 

level and there should not be any d3terioration with increasing speech 
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intensity. Consequently, one would not expect to see any performance 

differences between the two groups in quiet Second, as in the first experiment 

and expected, performance increased with increases in S/N regardless of noise 

condition Finally, performance was superior for the 50 versus 30 SL 

presentation for the interrupted noise condition only This latter finding 

deserves some comment 

The findinq of no difference between the two groups' performance at 

different SLs in the continuous broadband noise was consistent with those of 

Rupp et al. (1977). These findings may be explained with what is known about 

the ipsilateral masking function Regardless of any masker/maskee 

combination, it is well established that once a masker has caused a threshold 

shift, further increases in the masker level result in a linear equal dB shift in the 

maskee threshold (e g , see Konkle & Berry, 1983) Hawkins and Stevens 

(1950) reported that the thresholds of both detectability and intelligibility for 

speech in noise are linear for SLs of noise from 20 to 90 dB The fact that the 

this linear relationship exists, and that relative levels of masker and speech 

were maintained when shifting SL (i e , the S/Ns were the same in both SL 

presentations), suggests that the performance intensity function shapes should 

be preserved. In other words, the recognition of speech stimuli in noise is 

governed by audibility of the speech stimuli If the relationship of the speech 

stimuli and competing noise remains the same at suprathreshold levels one 

would e/nect the audibility of the speech stimuli to remain the same as well In 

this case the performance-intensity function should remain the same One 

would anticipate this to be true for presentation levels where maximum word 

recognition performance in quiet has been established (i e , at 20 to 30 dB SL 

and above re the listener's SRT). 
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The observation of group differences in the interrupted noise condition 

may be explained in terms of the forward and backward masking effects as a 

function of masker level. As outlined earlier it is recognized that the silent 

intervals between bursts of noise are not immune to the influence of noise 

bounding them. The gapb are subject to spill-over from the noise as a 

consequence of forward and backward masking. It has been established that 

the extent of forward masking (Festen & Plomp, 1981, 1983: Jestead Bacon & 

Lehman, 1982; Plomp, 1964: Smiarowski & Carhart, 1975, Widen & Viemeister. 

1979) and backward masking (Elliot, 1962a; Fasti. 1976, Festen & Plomp. 1981 

1983; Pickett, 1959) are independent of the masker level in normal-hearing 

listeners The period of time that a noise masks a preceding (in backward 

masking) or following signal (in forward masking* is approximately 25 to 50 ms 

and 150 to 200 ms, respectively, independent of the masker level This being 

the case, it can been seen that the slopes of backward and forward rr iskmg 

become steeper at increasing masker levels^. The influence of these masking 

slopes is different for each temporal masker With forward masking the time o* 

recovery from effective masking (or release from masking) is always faster for 

higher masking than lower masking levels. With backward masking the 

duration of effective masking is always short, for Higher masking than lower 

masking levels. It stands to reason that superior performance should be 

observed in interrupted noise at higher sensation levels because *ne duration of 

effective masking effects are lees 

Hypothetical masking functions illustrating these concepts are shown in 

Figure 8. The gap between the two noise bursts illustrated in the figure is larger 

than that employed with the hsieners of this study for the sake of simplicity in 

depicting the complete masking functions. The target speech signals are 

depicted as being presented at 50 and 30 SL at a -10 dB SN (\ e.. the masker 

I 



•d i 

Tirr,3(ms) 

79 

f orward Ma^kor 
60 dR SI 

f orAini Master 
40 dB SI 

Backwara Masxe' 
60 dB SL 

RacKwara MasKer 

40 dB Pi 

Figure 8: Hypothetical masking functions for 60 and 40 dB SL maskers The 

target speech signals are presented at 50 and 30 SL (i e , -10 dB 

S/N).The times, when a release from masking after the offset of the 

forward masker and the onset of backward masking effects occur, are 

noted with closed and solid arrowheads for the 60 and 40 dB 

maskers, respectively. 
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levels are 60 and 40 dB for the 50 and 30 dB speech signals, respectively). The 

duration of the forward maskers' decay is 125 ms The duration of the masking 

effects preceding the backward maskers is 50 ms The time at which masking 

effects are released (in the case of forward masking) or come into effect (in the 

case of backward masking) are noted with closed and solid arrowheads for the 

60 and 40 dB maskers, respectively. The times after the offset of the forward 

masker when release from masking occurs, in this example, are approximately 

20 and 31 ms for the 60 and 40 dB masker, respectively. The times when 

backward masking effects occur, in this example, are approximately 8 and 12 

ms for the 60 and 40 dB SL masker, respectively. The durations of the gaps 

where masking is not effective are approximately 172 and 157 ms for the 60 

and 40 dB masker, respectively. The slopes of the masking functions influence 

both the depth and width of the silent gap Since the silent gaps between noise 

bursts are of longer duration and of greater depth, at the high sensation level, a 

greater release from masking should occur. 

The findings, that the listeners who were presented stimuli at 50 dB SL 

performed significantly higher than those I'steners who were presented stimuli 

at 30 dB SL in the interrupted noise condition, are consistent with the 

phenomenon described above. One has to acKnowledge that the hypothetical 

masking functions illustrated aoove represent an oversimplification as signals 

positioned in the silent gaps between noise bursts are influenced by both 

forward and backward masking in a manne*- that is greater than the simple 

summation of the two (Elliot, 1969; Fasti, 1976, 1977, 1979; Patterson, 1971, 

Pollack, 1964; Rooinson & Pollack, 1973; Wilson & Carhart, 1971). It has also 

been confirmed with another time varying masker (i.e., interfering voice) that the 

release from masking is limited by forward masking and governed by its level 

(Festen, 1993; Festen & Plomp, 1987). 



Chapter 3 

Word Recognition Performance in Continuous and Interrupted Broadband 

Noise by Young Normal Hearing Older Normal Hearing and Presbycusic 

Listeners 

As outlined earlier, numerous studies have revealed performance 

detriments on tasks exploring auditory temporal phenomena among 

presbycusic Iisteners There was however, little consensus o,i the nature of the 

temporal resolution deficit among presbycusic listeners It was suggested that 

performance impairments observed with presbycusic Iisteners on temporal 

resolution tasks may be a consequence of peripheral hearing loss and or other 

independent age-related factors It was also proposed that disorders in 

temporal processing may be in part responsible for the decline in speech 

understanding that accompanies senescence 

The D P Phillips et al (1994* interrupted noise paradigm was offered as 

a tool to reveal not only deficits m temporal proces ng assoc ated with the 

penpneral hearing impairment but also any deficit that may be a consequence 

of central factors independent of the peripheral pathology As such, it appears 

mat the paradigm may reveal insights into the existence and severity of a 

temporal resolution deficit with Iisteners suffering from presbycusis In the third 

experiment of this thesis, it was proposed that performance-intensity functions 

for word recognition ,n continuous and interrupted broadband noise as a 

function of S/N be examined among young normal-heanng adults, cognitively-

intact older normal-hearing adults, and cognitively intact, age-matched 

presbycusic adults It was speculated that performance differences revealed by 

this quantitative speech-m-noise paradigm would reveal the contribution of any 

peripheral and central temporal resolution deficits towards word recognition 

81 
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performance. 

In the presert study, it was hypothesized that cognitively-intact hearing-

impaired presbycusic listeners should demonstrate a detriment in performance 

relative to young normal-hearing listeners in both continuous and broadband 

noise as a consequence of their hearing impairment. The disadvantage in 

continuous noise should be a repercussion of reduced audibility and 

impoverished frequency resolution in the high frequencies. The disadvantage 

in interrupted noise should be similar to that of the noise-induced hearing-

impaired listeners employed by D.P. Phillips et al. (1994). That is, one should 

observe a reduced ability to temporally resolve auditory information between 

the gaps of noise as a consequence of inferior temporal resolution resulting 

from restricted low frequency channel capacity. Any concomitant decline in 

central auditory processing may contribute, as well, to the predicted impaired 

performance with the presbycusic listeners. The hearing-impaired presbycusic 

listeners should also demonstrate a similar detriment in performance, in both 

continuous and broadband noise relative, to "normal-hearing" cognitively-intact 

aged matched listeners. Any observed dif.erences in both noise conditions 

between the normal-hearing and hearing-impaired older listeners should reveal 

the effects of the peripheral hearing loss alone. A comparison of the young 

normal-hearing listeners' and the older normal-hearing listeners' performance 

should reveal any contribution of aging. A comparison of the young normal-

hearing and older hearing-impaired listeners should reveal the combined effect 

of peripheral hearing loss and aging and possibly the interaction of the two 

effects. The purpose of the third experiment was to investigate this speculation. 

Method 

Participants 

I 
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Three groups of 12 adults served as participants in the third e> eriment. 

Group 1 consisted of the same 12 young adult university undergraduate and 

graduate students that served as Group 1 in the previous experiment. That is, 

the 4 males and 8 females (M = 24.9 yearo, SD =3.1). As detailed previous!/, 

they presented with normal-hearing sensitivity defined as having pure-tone 

thresholds at frequencies o. J50, 500, 1000, 2000, 3000, 4000, and 8000 Hz of 

25 dB HL (American National Standards Institute, 1989) or better. The mean 

SRT for Group 1 was 7.9 (SE= 0.96). 

Groups 2 and 3 consisted of 12 age-matched older participants between 

the ages of 55 and 70 years. Group 2 consisted of seven males and five 

females with a mean age of 61.0 years (SD = 4.5). Group 3 consisted of seven 

females and f<ve males with a mean age of 62.8 years (SD = 4 0). There was 

no statistically significant difference between these mean ages, f (22) = -1.13, p 

= .269. English was the first language of both groups, The Mini-Mental State 

(Folsten, Folsten, & McHugh, 1975) wa? employed to assess the cognitive 

mental status of these older participants. The tost consists of two parts: "the first 

of which requires vocal responses only and covers orientation, memory, and 

attention.,.. The second parts tests ability to name follow verbal and written 

commands, write a sentence spontaneously, and copy a complex polygon..." 

(Folsten et al., p. 190). Participants in both groups scored 24 or higher out of a 

possible total score of 306. As well, participants of both groups presented with 

a vocabulary age equivalent score of 12-1 years or more as assessed by the 

Peabody Picture Vocabulary Test-Revised (Form L, Dunn & Dunn, 1981). it is 

felt that the NU-6 materials are anpropriate for individuals with a vocabulary 

ages of 11 and one-half years and older (Sanderson-Leepa & Rintelmann, 

1976). Finally, all participants from these two groups were ambulatory and in 

good health. 
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Group 2 participants presented with normal hearing as defined as having 

pure-tone thresholds ot < 25 dB HL (American National Standards Institute) at 

frequencies of 250, 500, 1000, 2000, 3000, and 4000 Hz. Their mean SRT was 

15.0 (SE= 1.5). Group 3 consisted of participants with hiyh-frequency sloping 

sensorineural hearing losses. These individuals' test ear had normal-hearing 

pure-tone thresholds of < 25 dB HL in octave steps from 250 to 1000 Hz and 

thresholds of 35, 60, and 60 dB HL (American National Standards Institute) or 

better at 2000, 3000, and 4000 Hz, respectively. Air-bone gaps were less than 

15 dB. Tfieir mean SRT was 20.8 (SE = 0.53). For the most part, all participants 

in Group 3 had symmetrical hearing losses. All but two participants had 

interaural four-frequency pure-tone averages (PTAs) within 15 dB HL. PTAs 

were arithmetic means calculated from audiometric thresholds at 500, 1000, 

2000, and 4000 Hz. All of these older participants presented with normal 

middle ear function (American Speech-Language-Hearing Association, 1990). 

Both groups of individuals had a negative history of neurological disorders, 

otological disease, vertigo or persistent tinnitus, ototoxic drug use, chronic otitis 

media, middle ear dysfunction, head trauma and/or surgery, speech and 

language disorders, and significant occupational and recreational noise 

exposure. The presumed etiology of hearing impairment for Group 3 was 

presbycusis. The hearing-impaired older participants were solicited from the 

files of the Nova Scotia Hearing and Speech Clinic at the Halifax Infirmary 

Hospital, Halifax, NS. Prospective participants were contacted by telephone 

and requested to partake in the study. The participants from Group 2 were 

volunteers who responded to advertisements soliciting participation in the 

study. 

Pure-tone audiograms of the 12 participants in each of the young normal-

hearing (YNH) Group 1, older normal-hearing (ONH) Group 2, and older 
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Figure 9 Audiometric pure-tone thresholds (dB HL) for each of the 12 young 

normal-hearing participants from Group 1. 
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Figure 10: Audiometric pure-tone thresholds (dB HL) for each of the 12 older 

normal-hearing participants from Group 2. 
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Figure 12: Mean audiometric pure-tone thresholds (dB HL) for the Young 

Normal-Hearing Group 1, Older Normal-Hearing Group 2, and Older 

Hearing-Impaired Group 3. Error bars represent plus/minus one 

standard error of the mean. 
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hearing-impaired (OHI) Group 3 are presented in Figures 9, 10 and 11. 

respectively. Figure 12 displays the mean pure-tone audiograms from the three 

groups. A single-factor between-subjects ANOVA was undertaken to 

investigate the differences between groups with respect to hearing sensitivity. 

Hearing sensitivity was operationally defined as a four-frequency PTA f j r 500, 

1000, 2000, and 4000 Hz. The results ot that ANOVA are presented in Table 5. 

A statistically significant Group effect was observed (p , .0001) A Tukey 

(1953) F-test post hoc pair-wise comparison confirmed the observation, evident 

in Figu.e 12, that aH groups had significantly different hearing sensitivity relative 

to the others (p <,05). The results are found in Table 6. Specifically the YNH 

group had the best hearing sensitivity, as indexed by a four-frequency PTA, 

followed by the ONH and OHI groups, respectively. 

Stimuli 

The same custom two channel stereo cassette tape recordings of NU-6 

lists one to four described in the previous experiments served as the test stimuli 

The competing stimuli were again the continuous and interrupted broadband 

noise. 

Apparatus 

The double wall sound-treated audiometric suite (Industrial Acoustics 

Corporation) described previously served as the test environment. The 

recorded stimuli were routed from a stereo cassette deck (JVC Model DD-V7) to 

a clinical audiometer (Grason Stadler GS! 10 Model 1710-9700) and presented 

to each participant through an insert earphone (Etymotic Research Model ER-

3A). All noise reduction and filter systems on the stereo cassette deck were in 

the off position during testing. 
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Table 5 

Summary table tor the single-factor between-subjects ANOVA investigating four-frequency pure-tone average (dB HL) 

ac a function of Group (i.e., young normal-hearing vs. older normal-hearing vs. older hearing-impaired listeners). 

Source Sum of Squares df Mean Square F p to 2 

Group 2822.66 2 1411 33 78.80 <.0001* .81 

Error 591.02 33 17.91 

Note. Pure-tone averages were calculated from audiometric thresholds at 500, 1000. 2000, and 4000 Hz. 

* considered significant at p < .05 
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Table 6 

Tukey pair-wise comparisons of four-frequency pure-tone ave'ages (dB HL) as 

a function of Group. 

M Group V N H ONH OH 

3 8 YNH 

12.5 ONH 

25.3 OHI 

Note. Pure-tone averages v/ere calculated from audiometnr thresholds at 500, 

1000, 2000, and 4000 Hz. YNH = young normal-hear,rg: ONH -. o'der normal 

hearing; OH! = older hearing-impaired 

* denotes pairs of means significantly different at p < .05 (two tailed) 

r 
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Procedure 

Testing was undertaken in one session of approximately one hour in 

duration. All groups of participants were presented with the identical NU-6 

stimuli at 30 dB SL re: their respective SRTs. The speech stimuli were 

presented in quiet and in both broadband noises (continuous and interrupted) 

conditions with S/Ns of 10, 5, 0, -5,-10, -15, and -20. The presentation order of 

lists, noise condition, and S/N was determined with a Latin square design. All 

test stimuli and noise competitors were presented monaurally tr> the right ear of 

each participant. 

Results 

Participants' responses were scored as total whole word percent correct. 

Mean word recognition performance in quiet was 92.3 % (SE = 1.1), 91.3 (SE = 

1.3), and 86.5 % (S£ = 1.1) fortne YNH, ONH, and OHI groups, respectively. 

Mean scores as a function of Group and S/N art shown in Figures 13 and 14 for 

continuous and interrupted broadband noise, respectively. Participants in all 

groups displayed typical sigmoid performance-intensity functions in the 

continuous noise condition. As in the previous experiment, performance 

improved in the interrupted noise condition for all grouDS Shallower 

performance-intensity fu ons were also evident in the interrupted noise 

condition. 

Prior to subjecting the participants' pioportional scores to inferential 

statistical analyses, they were transformed to RAUs (Studebaker, 1985). With 

respect to mean word recognition performance in quiet as a function of Group 

and S/N a single-factor between-subjects ANOVA was undertaken. The results 

are presented in Table 7. A statistically significant Group effect was found (p < 

.05). In order to ascertain which group mean word recognition performances 

were different, a Tukey (1953) F-test post hoc pair-wise comparison was 

f * I 
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broadband noise as function of Group and S/N (n = 12). Error bars 

represent plus/minus one standard error of the mean. 
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Table 7 

Summary table for the single-factor between-subjects ANOVA investigating word recognUon performance in quiet as a 

function of Group (i.e., young normal-hearing vs. older normal-hearing vs. older hearing impaired listeners). 

Source 

Group 

Error 

Sum of Squares 

537.91 

1298.21 

df 

2 

33 

Mean Square 

268.95 

39.34 

F 

6.84 

P 

.0033* 

6 2 

.098 

Note. * considered significant at p < 05 
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Table 8 

Tukey pair-wise comparisons of transformed means of word recognition percent 

correct scores in quiet as a function of Group. 

M Group OHI ONH YNH 

87.3 OHI 

94.6 ONH 

96.2 YNH 

Note. YNH = young normal-hearing; ONH = older normal-hearing; OHI = older 

hearing-impaired. 

* denotes pairs of means significantly different at p < .05 (two-tailed). 
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performed. These results are found in Table 8. Specifically, the OHI group 

mean word recognition performance was significantly different from both the 

YNH and ONH groups (p < .05). 

To investigate mean word recognition performance differences as a 

function of Group and S/N for both continuous and interrupted broadband noise 

conditions, separate mixed two-factor ANOVAs were undertaken. The results of 

the ANOVA investigating performance in continuous noise are presented in 

Table 9. Significant main effects were observed for both Group and S/N (p < 

.05). A nonsignificant Group by S/N interaction was evident. Not surprisingly, 

performance increased with increases in S/N for all groups. A Tukey (1953) F-

test post hoc pair-wise comparison was employed to investigate group mean 

word recognition performance collapsed across S/N. The results of this 

analysis are found in Table 10. It was found that all pair-wise comparisons 

were statistically significant (p < .05). That is, all grouos performed differently, 

with superior performance being displayed by the YNH group followed by the 

ONH and OHI groups, respectively. 

The results of the ANOVA investigating performance in interrupted noise 

are presented in Table 11. Significant main effects were found for Group and 

S/N, as well as a significant Group by S/N interaction (p < .05). In order to 

investigate group mean word recognition performance collapsed across S/N a 

Tukey (1953) F-test post hoc pair-wise comparison was performed. The results 

of this analysis arc found in Table 12. As evident in Table 12, all pair-wise 

comDarisons were statistically significant (p < .05). Again, all groups performed 

differently with superior performance being displayed by the YNH group 

followed by the ONH and OHI groups, respectively. 
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Table 9 

Summary table for the mixed two-factor within-subjects ANOVA investigating word recognition performance in 

continuous broadband noise as a function of Group (i.e., young normal-hearing vs. older normal-hearing vs. older 

hearing-impaired) and S/N. 

Source Sum of Squares df Mean Square tt>2 

Group 

Error 

S/N 

Group X S/N 

Error 

3394.57 

3895.32 

360359.41 

707.51 

11091.54 

2 

33 

6 

12 

198 

1697.28 

118.04 

60059.90 

58.96 

56.02 

14.31 

1072.16 

1.05 

<.0001* 

<.0001*a 

.403b 

.20 

.89 

.00083 

Note, p values following a Geisser-Greenhouse and Huynh-Feldt correction are a .0001, .0001; and b .401, .402 

respectively. 

* considered significant at p < .05. 
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Table 10 

Tukey pair-wise comparisons of transformed means of word recognition percent 

correct scores in continuous broadband noise collapsed across S/N as a 

function of Group. 

M Group OHI ONH YNH 

33.5 OHI 

38.1 ONH 

42.5 YNH 

Note. YNH = young normal-hearing; ONH = older normal-hearing; OHI = older 

hearing-impaired. 

* denotes pairs of means significantly different at p < .05 (two-tailed). 

I1 
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Table 11 

Summary table for the mixed two-factor within-subjects ANOVA investigating word recognition performance in 

interrupted broadband noise as a function of Group (i.e., young normal-hearing vs. older normal-hearing vs. older 

hearing-impaired) and S/N. 

Source Sum of Squares df Mean Square ^ 2 

Group 

Error 

S/N 

Group X S/N 

Error 

16454.81 

5655.76 

88845.45 

1230.67 

9724.60 

2 

33 

6 

12 

198 

8227.41 

171.39 

14807.57 

102.56 

49.11 

48.00 

301.46 

2 09 

<.ooor 

<.0001*a 

.0192° 

.47 

.70 

.017 

Note, p values following a Geisser-Greenhouse and Huynh-Feldt correction are a .0001, .0001; and b..0317, .0201 

respectively. 

* considered significant at p < .05. 
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Table 12 

Tukey pair-wise comparisons of transformed means of word recognition percent 

correct scores in interrupted broadband noise collapsed across S/N as a 

function of Group. 

M Group OHI ONH YNH 

48.8 OHI 

59.9 ONH 

68.5 YNH 

Note. YNH = young normal-hearing, ONH = older normal-hearing, OHI = older 

hearing-impaired. 

* denotes pairs of means significantly different at p < 05 (two-tailed) 



To further investigate the significant Group by S/N interaction found with 

the ANOVA examining word recognition performance in interrupted noise, the 

relationship between group word recognition performance and S/N was 

examined with correlation and regression analyses. A statistically significant 

positive correlation was found between word recognition sc^res and S/N for all 

groups (p < .0001}. Pearson product-moment correlation coefficients (r) and 

their 95% confidence intervals (lower and upper) were .93 (.89 and .95), .91 

(.86 and .94), and .93 (.89 and .95) for the YNH, ONH, and OHI groups, 

respectively. Simple linear regression analyses revealed a statistically 

significant relation between S/N and word recognition performance scores for 

all groups. That is, knowledge of S/N will enhance the prediction of word 

recognition scores for all groups. The results of these analyses are presented 

in Tables 13 and 14. Violations of assumptions of linearity, normality, and 

homoscedasticity were not revealed following examinations of scatterplots of 

residuals against predicted values, residuals against individual independent 

values, and individual independent values against predicted values. The 

differences among the slopes or regression coefficients (6) were also tested 

(i.e., are the population slopes or regression coefficients different from zero). 

The analyses from separate f-tests are found in Table 15. For al! groups, the 

null hypothesis was rejected. That is, the separate slopes were different from 

zero, and therefore knowledge of S/N enhances the prediction of word 

recognition score. The bivariate scatter plot and respective linear regression 

lines for word recognition performance (in RAUs) as a function of experimental 

group data are presented in Figure 15. 

Further analyses was undertaken to investigate the significance of the 

differences between independent slopes or regression coefficients (Cohen & 

Cohen, 1983). The results oi unpaired two-tailed f-tests evaluating pair-wise 
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Table 13 

Summary table for the ANOVA investigating the linear relationship between percent correct word recognition 

performance in broadband interrupted noise as a function of Group and S/N. 

Source 

Young Normal-Hearing 

Regression 

Residual 

Older Normal-Hearing 

Regression 

Residual 

Older Hearing-Impaired 

Regression 

Residual 

Sum of Squares 

23009.46 

3792.78 

28590.12 

6076.22 

37950.34 

6037.51 

df 

1 

82 

1 

82 

1 

82 

Mean Square 

23009.46 

45.25 

28590.12 

74.10 

37950.34 

73.63 

F p 

497.46 <.0001* 

385.83 ^.0001* 

515.43 <.0001* 

Note. * considered significant at p < .05. 
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Table 14 

Regression line equations for predicting word recognition performance (in 

RAUs) in broadband interrupted noise from S/N as a function of Group. 

Young Normal-Hearing 
1 fifi RAU 

Predicted word recognition score = ' o / N — * S/N + 76.78 RAU 

Older Normal-Hearing 

Predicted word recognition score = ' Q/N— * S/N + 69.08 RAU 

Older Hearing-Impaired 
2 13 RAU 

Predicted word recognition score = ' g / N — * S/N + 59.39 RAU 

Now. In predicting y scores from x scores, the equation for the straight line used 

in prediction is ? = Bx + A, where ? is the predicted score, B is the slope of the 

line, and A is the Y intercept. 

F 
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Table 15 

Summary of two-tailed t-tests examining the significance of the independent 

regression coefficients (B) as a function of Group. 

B SE of B Standardized B t p 

Young Normal-Hearing 

1.66 0.074 0.93 22 30 <.0001* 

Older Normal-Hearing 

1.84 0.094 0 91 19 64 < 0001* 

Older Hearing-Impaired 

2.13 0.094 0.93 22 70 < 0001* 

Note. * considered significant at p < .05 

I I 
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Table 16 

Summary of two-tailed t-tests examining the significance ot differences between 

pair-wise comparisons of independent regression coefficients. 

Difference between B's df t p 

Young Normal-Hearing vs. Older Normal-Hearing 

0.19 164 1.78 < 05* 

Young Normal-Hearing vs. Older Hearing-Impaired 

0.47 164 4 41 < 01* 

Older Normal-Hearing vs. Older Heanng-Impaired 

0.28 164 2 37 < 01* 

Note. * considered significant at p < 05 
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comparisons of the independent Bs are found in Table 16. Essentially all pair-

wise comparisons were statistically different. These results suggest that group 

performance is differentially affected by S/N. In o' .r words, as S/N becomes 

more favorable w&rd recognition improves at different rates or, conversely, as 

S/N becomes more adverse word recognition performance decreases at 

different rates. Specifically, the degree of change in word recognition 

performance as a function of S/N is greatest in the OHI group followed by the 

ONH group, and finally by the YNH group. 

Finally, further investigation of the performance of the two older groups of 

listeners was undertaken. ANOVAs by their design explore differences 

between two or more treatment groups. In the previous analyses, groups were 

categorized in clinical terms as being either normal-hearing or hearing-

impaired. What is often overlooked with this categorical distinction and with 

ANOVAs is the relationship among variables. It was of interest to explore word 

recognition performance as a function of hearing sensitivity. Correlation and 

regression analyses were carried to examine this relationship. By exploring the 

older groups of listeners it was possible to hold the age variable constant. 

Transformed word recognition scores from both the ONH and OHI groups 

were collapsed across S/N for both continuous and interrupted broadband 

noise as a function of four-frequency PTA and subjected to correlation and 

linear regiession analyses. A statistically significant negative correlation was 

found between PTA and word recognition scores for both noise conditions. 

Pearson product-moment correlation coefficients (r) and their 95% confidence 

intervals (lower and upper) were -.48 (-.74 and -.10) ana -.74 (-.88 and -.48) for 

the continuous and interrupted noise, respectively. Linear regression analyses 

revealed a statistically significant relation between PTA and word recognition 

performance scores in both noise conditions. That is, as ?TA increases word 



Table 17 

Summary table for the ANOVA investigating the linear relationship between percent correct word recognition 

performance in broadband continuous and interrupted noise as a function of four-frequency pure-tone average (dB HL) 

for the older participants. 

Source 

Continuous Broadband Noise 

Regression 

Residual 

Interrupted Broadband Noise 
Regression 

Residual 

Sum of Squares 

152.51 

504 63 

776.90 

649 42 

df 

1 

22 

1 

22 

Mean Square 

152.51 
22.94 

776.90 

29 52 

F p 

6 65 01 7* 

26 32 <.0001* 

Note. Pure-tone average was calculated from audiometric thresholds at 500,1000, 2000, and 4000 Hz. 

* considered significant at p < .05. 
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Table 18 

Regression line equations for predicting word recognition performance (in 

RAUs) in broadband continuous and interrupted noise as a function of four-

frequency PTA (dB HL) for the older participants. 

Continuous Broadband Noise 
32 RAU 

Predicted word recognition score = ' s / [ g — *PTA + 41.80 RAU 

Interrupted Broadband Noise 
- 72 RAU 

Predicted word recognition score = ~ ^ S / M — *PTA + 67.86 RAU 

Note: In predicting y scores from x scores, the equation for the straight line used 

in prediction is 9 = Bx + A, where y is the predicted score, B is the slope of the 

line, and A is the Y intercept. 
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Table 19 

Summary of two-tailed t-testa examining the significance of the independent 

regression coefficients (B) for both noise condition 

B SE of B Standardized t p 

B 

Continuous Broadband Noise 

-.32 0.12 -.48 -2.56 .017* 

Interrupted Broadband Noise 

-.72 0.14 -.74 -5.13 <.0001* 

Note. * considered significant at p < .05. 
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Figure 16: Bivariate scatter plots and respective linear regression lines for word 

recognition performance (in RAUs) as a function of PTA in continuous 

and interrupted noise for the ONH and OHI groups. 
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recognition performance deteriorates in both noises for the older hearing 

participants. The results of these analyses are presented in Tables 17 and 18. 

Violations of assumptions of linearity, normality, and homogeneity of variance 

were not revealed following examinations of scatterplots of residuals against 

predicted values, residuals against individual independent values, and 

individual independent values against predicted values. The slopes or 

regression coefficients (B) were also examined (i.e.. to assess whether the 

population slopes or regression coefficients are different from zero). The 

analyses from separate Mests are found in Table 19. For both noisa conditions, 

the null hypothesis was rejected. That is, the separate slopes were different 

from zero, and therefore knowledge of PTA enhances the prediction of word 

recognition score. The bivariate scatterplots and respective linear regression 

lines for word recognition performance (in RAUs) and PTA as a function of noise 

condition are presented in Figure 16. 

Several observations can be made while examining Figure 16. First, 

performance is negatively correlated to absolute hearing sensitivity, as indexed 

by the four-frequency PTA, among the older participants for both noise 

conditions. Second, the OHI data cluster to the right of the scatterplot, reflecting 

poore, absolute hearing sensitivity. Recall Figure 12 and Table 6 where pure-

tone threshold data was presented and analyzed. Next, word recognition 

scores are higher in the interrupted broadband noise than in the continuous 

broadband noise, reflecting the release from masking in the former noise 

condition for all listeners. This is consistent with the data presentation in 

Figures 13 and 14. Further, within each noise condition, the ONH data tends to 

cluster higher on the ordinate reflecting the fact that in both noise conditions 

their word recognition performance was superior to the OHI group (see Tables 

10 and 12). Finally, notice that the trend the data take, for both noise conditions, 
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is one of a continuous distribution moving along the abscissa from data points 

of the normal-hearing to the hearing-impa ,ed Iisteners. 

Discussion 

In general, the overall performance of the older listeners in quiet and 

noise in this experiment are similar to that of young listeners in the two previous 

experiments. That is, performance is superior in quiet, improves with increasing 

S/N, and is greater in the interrupted broadband noise than in the continuous 

broadband noise. There were, however, significant group differences in all 

three listening conditions in spite of participants being presented speech stimuli 

at the same SL. 

In quiet, both the YNH and ONH groups had significantly higher word 

recognition scores than the OHI group. The difference is attributed to the 

greater loss in hearing sensitivity and subseque.it reduced channel capacity 

above 2000 Hz in the hearing impaired group. The effect size was not large. It 

may have been the case that this difference would have disappeared had the 

speech stimuli been presented at a higher SL for the hearing impaired group. It 

has been found that maximum performance for presbycusic listeners may not 

be attained until SL presentation is greater than 40 dB (Gang, 1976; Gordon-

Salant, 1987; Kasden, 1970; Linden, 1954). 

In the continuous noise, there was an expected significant effect of S/N. 

All three groups performed differently with superior performance displayed by 

the YNH group followed by the ONH and OHI groups. The fact that the OHI 

group's performance was inferior to the normal-hearing groups is nut surprising. 

As outlined in the introduction, there is a plethora of literature documenting 

inferior listening performance of the hearing impaired in competing background 

noise. The contribution of reduced high-frequency audibility and poorer 

frequency resolution are responsible (e.g., Bonding, 1979; Glasberg & Moore, 
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1986; Glasberg et al., 1984; Lutman, 1991; Lutman et al., 1991, Patterson et al., 

1982; Nelson, 1991; Tyler et al., 1982). There may be concomitant central 

auditory effects that contribute to the differences between the OHI and YNH 

groups, as well; however, these data alone cannot give confirm that 

speculation. 

The difference between the two normal-hearing groups is of interest. 

Although performance batwaen the young and older groups was statistically 

equivalent in quiet, it was not the case in the competing continuous broadband 

noise. These results are similar to those of others who have reported 

impoverished speech recognition performance between young and older 

normal-hearing listeners only in conditions of competing stimuli (Dubno et al. 

1984; Gelfand et al., 1986). Three plausible explanations can be offered for the 

performance disadvantage experienced by the ONH group in continuous noise 

First, although the ONH and the YNH groups had hearing thresholds withm 

normal limits, there were some high-frequency sensitivity differences above 

4000 Hz (see Figures 8, 9, and 11). It nfght be argued that this loss of audibility 

may have contributed to the decrease in performance. This seems unlikely, 

however, considering the fact that there is little acoustic information above 4000 

Hz that contributes to recognition of consonant-vowel-consonant monosyllabic 

words (Egan & Wiener, 1946; French & Steinberg. 1947; Pollack, 1948). Recall 

also, that there were no differences in performance in quiet Further, the group 

mean pure-tone threshold was only mildly impaired. Seven participants had 

normal pure-tone thresholds of < 25 dB HL at 8000 Hz. 

A second offering, for the performance disadvantage experienced by the 

ONH group in continuous noise, may be inherent suprathreshold distortion 

within the older auditory system. Decreases in performance in spite of a 

reasonably high presentation levels is consistent with Plomp and colleagues' 
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model of auditory handicap where one aspect of hearing impairment is 

characterized by suprathreshold distortion (e.g., Dreschler & Plomp, 1980, 

1985; Festen & Plomp, 1981; Plomp, 1978, 1986; Plomp & Duquesnoy, 1982; 

Plomp & Mimpen, 1979; van Rooij & Plomp, 1989,1990, 1992). The effect is 

analogous to listening at a reduced S/N in spite of apparently normal hearing 

sensitivity. In other words, the older listeners may be processing acoustic 

stimuli in the same manner as the younger listener, but they are operating at an 

effectively reduced S/N. This seems conceivable considering the fact that the 

both young and old normal-hearing groups performed the task at equivalent 

SLs. The source of the distortion may be either peripheral or central. One 

source that may allow the introduction of peripheral distortion is auditory filters 

widening with increasing age (Glasberg et al., 1984; Lutman, Gatehouse, & 

Worthington, 1991; Patterson et al., 1982). The reported effect sizes are, 

however, small and these studies have been attacked for the fact tnat hearing 

loss among participants may have been confounded with the effects of age. 

Other studies have offered that auditory filter shape/frequency resolution does 

not necessarily differ with age in normal-hearing older listeners or hearing-

impaired older listeners when the effects of hearing loss are controlled (Peters 

& Hall, 1994; Peters & Moore, 1992a, 1992b). It appears t!,en, that auditory filter 

shape, in older listeners with normal absolute thresholds, may not be abnormal. 

That being the case, it seems unlikely that the lower performance exhibited by 

the ONH group is a result of poorer frequency resolution. One has to admit that 

a normal audiogram and excellent word recognition in quiet does not preclude 

some other suprathreshold cochlear processing disruption that may influence 

listening performance in noise. A central auditory deficit(s) may furnish some 

suprathreshold processing distortion and hence foster the degraded 

performance among the older listeners. Central auditory processing 
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dysfunction has been reported elsewhere in cognitively-intact elderly adults 

without a concomitant decline in heanng sensitivity or linguistic proficiency 

(Rodriguez et al., 1990). Attempting to identify the nature of that deficit on these 

data alone would be conjecture. One suggestion comes from Peters and Moore 

(1992b) who offer that the efficiency of the central detection process following 

peripheral auditory filtering decreases with aging. Efficiency of detection is 

represented by K. Values of K, indicating the S/N at the output of the auditory 

filter where a signal is at threshold, increase with aging. In other words, older 

listeners require a higher S/N from the auditory filter output for serial detection 

One may imply, for suprathreshold processing, older listeners require a higher 

S/N from peripheral output channels in order to achieve the same performance 

level as younger listeners As stated above, it reflects the fact that older 

listeners are functioning at a reduced S/N 

Nonauditory central effects or linguistic incompetence may be offered as 

a inal suggestion for the cause of the performance differences observed 

between the young and older participants in the continuous noise condition 

The appeal of this suggestion is weak due to the fact that screening procedures 

were employed (i e., Mini-Mental State [Folsten, et al., 1975] and the Peabody 

Picture Vocabulary Test-Revised [Dunn & Dunn, 1981]) Admittealy, the these 

procedures do not claim sensitivity to all cognitive and linguistic parameters that 

may influence performance, but the word recognition task is not particularly 

cognitively or linguistically demanding It is also unlikely that response criteria 

differences that may be evident among older Iisteners would contribute to the 

performance difference on this speech recognition task (Jerger, Johnson, & 

Jerger, 1988; Sapp & McCarthy, 1993) 

In the interrupted broadband noise listening condition there was again 

an expected main effect of S/N A positive correlation was found between S/N 
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and word recognition scores. As well, significant linear regression equations 

were found for all groups. That is, knowledge of S/N enhances the prediction of 

word recognition scores for all groups. These findings were not unanticipated. 

Group effects in the interrupted noise paralleled those in the continuous 

noise. That is, superior performance was displayed by the YNH group followed 

by the ONH and OHI groups, respectively. This finding would imply differing 

degrees of temporal resolution among the three groups of listeners. It was 

predicted that the OHI group would display poorer performance than the two 

normal-hearing groups as a consequence ot their restricted listening 

bandwidth. That is, performance is attributable to hearing-impaired listeners' 

restricted low-frequency channel capacities which have inherently inferior 

temporal resolving abilities. Although the presbycusic listeners did receive 

some release from masking in the interrupted noise relative to the continuous 

noise, it was not as large as that experienced by the normal-hearing listeners. 

These results are consistent with others who report the release from masking is 

less favorable among presbycusic listeners and listeners with other 

sensorineural hearing pathology in competing interrupted broadband noise (de 

Laat & Plomp, 1983; Punch, 1978; Wilson & Carhart, 1969) and other time-

varying maskers such as interrupted speech babble (Bergman, 1980), 

amplitude modulated noise (Bacon, Opie, & Montoya, 1994; Eisenberg et al., 

Festen, 1987; Shapiro et al., 1972; Souza & Turner, 1994; Takahashi & Bacon, 

1992), and interfering speech (Festen, 1993; Festen & Plomp, 1990). 

One is again faced with the task of attempting to account for the 

performance differences between the two normal-hearing groups in the 

interrupted broadband noise. As with the performance in the continuous noise, 

one could offer either differences in high-frequency bandwidth sensitivity or 

inherent suprathreshold peripheral or central distortion within the older auditory 
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system. A contribution of other nonauditory central effects, linguistic 

incompetence, or response criteria differences may be unlikely as described 

above. It may be the case that the restricted peripheral auditory bandwidth of 

the older listeners, albeit mildly different than the young normal Iisteners, 

contributes to poorer temporal resolution. It seems unlikely that this is the case, 

as stated above- There is little acoustic information above 4000 Hz that would 

enhance performance on this word recognition task The ONH participants had 

sufficiently wide enough auditory bandwidth to utilize high-frequency auditory 

filters with satisfactory temporal resolving capacities. One could also offer that 

the older ear's central temporal integrator/temporal window is broader and this 

alone could impair temporal resolution. Recall that the broader the temporal 

window, the longer the temporal integration or poorer the resolution This is 

highly speculative and there is no reason to believe that this is the case. There 

is no available research to resolve this matter One may again entertain the 

hypothesis that some other central auditory dysfunction may be a significant 

contributor. 

The significant group differences found with the ANOVAs coupled with 

the significant correlation and linear regression analyses, found examining 

word recognition scores from the ONH and OHi groups collapsed across S/N for 

both continuous and interrupted broadband noise as a function of four-

frequency PTA, are of interest. From observing the distribution of the data in 

Figure 16 and the significant linear relationship between absolute hearing 

sensitivity a d word recognition performance, one may suggest that the 

dichotomization of normal-hearing versus hearing-impaired, albeit convenient 

and sensible, is likely oversimplified. The regression analyses suggest first, that 

the absolute sensitivity is continuously distributed, and second, not surprisingly, 

that PTA is linearly related to word recognition performance in noise. The YNH 

* 
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Figure 17: Figpre 16 replotted with the YNH data superimposed on the ONH 

ard OHI data. The ONH and OH! data are exact reproductions of the 

earlier figure and the YNH data was not incorporated into the 

regression analyses. 
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data was superimposed on the ONH and OHI data from Figure 16 and replotted 

in Figure 17. The ONH and OHI data are exact reproductions of the earlier 

figure and the YNH data was not incorporated into the regression analyses. 

Although age between the young and two older groups is not continuously 

distributed due to sampling techniques, it is interesting to look at the pattern that 

has emerged. The YNH data cluster to the upper nght of each scatterplot 

reflecting, obviously, their supenor performance and younger age. The YNH 

data appear to add a further piece to the puzzle That is, their word recognition 

performance suggests that the dichotomization of young versus older listener 

albeit convenient and sensible also, is likely oversimplified and possibly 

misleading. What emerges is a view that there is likely a progressive 

deter oration of threshold and suprathreshold processing with age. Gelfand 

and Silman (1985) agree with this sentiment that aging be viewed as a 

progressive process and not a static dichotomy of young versus old "There is a 

progression in reduced auditory functioning that may be steady or precipitous 

as a function of age, depending on the parameter under study" (p. 208) 

Findings of consonant recognition errors amorg listeners with normal hearing 

as a function of aging support this notion (Gelfand, Piper. & Silman, 1985, 

Gelfand et al., 1986) That is, older normal hearing Iisteners make similar 

consonant confusion errors in quiet and noise as do younger listeners This 

implies that the differences in performance with aging are quantitative rather 

than qualitative This may be the case with the observed differences between 

the YNH and ONH groups in absolute hearirg sensitivity and suprathreshold 

performance reflected in pure-tone audiograms and word recognition in 

competing noise, respectively The performance of the OHI group may be 

viewed as a point further away on that continuum from the two normal hearing 
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groups as their performance is exacerbated by poorer absolute hearing 

sensitivity. 

Finally, the interaction of Group by S/N in the interrupted broadband 

noise is of interest. Post hoc regression analyses revealed a significant linear 

relationship between S/N and word recognition scores. Knowledge of S/N 

enhance s the prediction of word recognition score for all groups Pair-wise 

comparisons of group regression slopes revealed that all comparisons were 

significantly different. In other words, all groups were differentially affected by 

the competing interrupted noise. As S/N deteriorates the differences between 

groups is magnified (see Figure 14). This is of note in light of the above 

discussion of the possibility of suprathreshold processing distortion within the 

auditory system of the older listener. 

It stands to reason that some perceptual tasks will be more sensitive in 

detecting auditory dysfunction than others. It has been suggested that where 

differences have not been found between young and older listeners, it may be a 

result of performance indices not being sufficiently sensit/ve (Ssenberg et al., 

1995; Gordon-Salant, 1987; Humes & Roberts, 1990; Souza & Turner, 1994; 

Takahashi & Bacon, 1992). Adding a time-varying compethg stimulus may 

yield a more sensitive index for contrasting word recognition performance 

between young and old and between normal-hearing and hearing-impaired 

listeners (Eisenberg et al.; Takahashi & Bacon). It may be that the differences 

between young and older listeners, in speech understanding against a 

competing continuous noise, are a function of the inherent suprathreshold 

peripheral and/or central distortion within the older auditory system. Evaluating 

speech understanding in interrupted noise appears to be more sensitive in 

revealing differences in auditory function between listeners. That is, it provides 

a venue in which auditory processes can be engaged, and if compromised, be 

i 
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revealed to be compromised. It seems that the paradigm reveals the patency of 

the temporal processes that are responsible for the perceptual advantage (i.e., 

a release from masking) a listener has in interrupted competing stimulus. 
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Chapter 4 

Addressing the Problem of Older "Normal-Hearing" Listeners: 

Reevaluating Word Recognition Performance in Continuous and Interrupted 

Broadband Noise by Normal-Hearing Listeners with a Simulated High-

Frequency Hearing Loss 

In the previous experiment it was speculated that the detriment in 

performance in the continuous and interrupted broadband noise exhibited by 

the ONH group, relative to the YNH group, could be a consequence of 

differences in high-frequency hearing sensitivity above 4000 Hz. This 

experiment sought to explore that speculation by retesting the YNH group with a 

simulated hearing loss similar to that of the ONH group. The purpose of this 

experiment was, therefore to investigate normal-hearing participants' 

performance in continuous and interrupted broadband noise as a function of 

S/N with and without a simulated high-frequency hearing loss above 4000 Hz. 

Method 

Participants 

The 12 young adult university undergraduate and graduate students 

described as Group 1 in the two previous experiments served as participants. 

Stimuli 

The test stimuli consisted of the same recordings of the NU 6 lists one to 

fou*' described in the previous experiments. 

Apparatus 

The equipment array was identical to that described in the previous 

experiment with the exception that the test stimuli were lowpass filtered to 

simulate a high-frequency hearing loss as in the first experiment. That is, the 

recorded stimuli were routed in series from the stereo cassette deck (JVC Model 

124 
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DD-V7), passive analog filter (Krohn-Hite, Model 3340), clinical audiometer 

(Grason Stadler GSI 10 Model 1710-9700), and presented to each participant 

through the insert earphone (Etymotic Research Model ER-3A). The signal was 

lowpass filtered, at 4000 Hz with a rolloff slope of 48 dB/octave, to simulate a 

high-frequency hearing loss. This choice of filter cutoff and rolloff slope were 

employed in an effort to mimic the worst high-frequency audiometric 

configuration found in the ONH group in the previous experiment. That 

participant had a pure-tone threshold of 50 dB HL at 8000 Hz 

Procedure 

Testing was undertaken in one session of approximately one hour in 

duration one to two months following the previous test session. Participants 

were presented with the identical NU-6 stimuli at 30 dB SL re; their respective 

SRTs. The speech stimuli were again presented in quiet and in both noise 

conditions with S/Ns of 10, 5, 0, -5, -10. -15, and -20. The presentation order of 

lists, noise condition, and S/N was determined with a Latin square design. All 

test stimuli and noise competitors were presented monaurally to the right ear of 

each participant. 

Results 

Participants' responses were scored as total whole word percent correct. 

Mean word recognition performance in quiet was 94.3 % (SE= 0.73). Mean 

scores as a function of noise type and S/N are shown in Figure 18. Participants' 

word recognition scores in the unfiltered condition from the previous experiment 

are included as well. Participants again displayed the typical sigmoid 

performance-intensity functions in the continuous noise condition and a 

shallower performance-intensity function and improved overall performance in 

the interrupted noise condition. 

Prior to subjecting the participants' proportional scores to inferential 
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Figure 18: Mean percent correct word recognition score in continuous and 

interrupted broadband noise as function of Auditory Condition (i.e., 

unfiltered and simulated hearing loss via lowpass filtering at 4000 Hz) 

and S/N (n =12). Error bars represent plus/minus one standard error 

of the mean. 



Table 20 

Summary table for the two-factor within-subjects ANOVA investigating word recognition performance in continuous 

broadband noise as a function of Auditory Condition (i.e., unfiltered vs. filtered) and S/N. 

Source Sum of Squares df Mean Square 

Auditory Condition 

Error 

S/N 

Error 

Auditory Condition X S/N 

Error 

643.90 

380.62 

241463.53 

4710.41 

188.15 

2722 51 

1 

11 

b 

66 

6 

66 

643.90 

34.11 

40243.92 

71 37 

31 36 

41.25 

18.61 

563.88 

.76 

.00123 

.0001*b 

.604C 

.42 

.98 

.00 

Note, p values following a Geisser-Greenhouse and Huynh-Feldt correction are a.0012, .0012; b .0001, 0001; and 

c.544, .594 respectively. 

* considered significant at p < .05. 



Table 21 

Summary table for the two-factor within-subjects ANOVA investigating word recognition performance in interrupted 

broadband noise as a function of Auditory Condition (i.e., unfiltered vs. filtered) and S/N. 

Source Sum of Squares df Mean Square F p co^ 

Auditory Condition 

Error 

S/N 

Error 

Auditory Condition X S/N 

Error 

Note, p values following a Geisser-Greenhouse and Huynh-Feldt correction are a.385, .385; b.0001. .0001; and c.742, 

.821 respectively. 

* considered significant at p < .05. 

13.43 

180.83 

44285.26 

3841.32 

66.50 

1522.70 

1 

11 

6 

66 

6 

66 

13.43 

16.44 

7380.88 

58.20 

11.08 

23.07 

.82 

126.81 

.48 

.385a 

.0001*b 

.821 c 

.00 

.90 

.00 
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statistical analyses they were transformed to RAUs (Studebaker, 1985) With 

respect to mean word recognition performance in quiet, no statistically 

significant difference was found between the YNH group's performance, r (11) = 

-1.57, p = .145. In other words, there was no effect of filtering on word 

recognition performance in quiet. 

To investigate mean word recognition performance differences as a 

function of filtered and unfiltered listening and S/N for both continuous and 

interrupted broadband noise conditions, separate two-factor within-subjects 

analyses of variances (ANOVAs) were undertaken The results of each 

separate ANOVA are presented in Tables 20 and 21 Not surprisingly, a 

significant main effect was observed for S/N with both continuous broadband 

and interrupted noise conditions ip < .05) Again, performance increased with 

increases in S/N regardless of noise condition. A significant mam effect for 

filtering (i.e., simulated hearing loss) was only observed in the continuous noise 

condition (p < ,05). Surprisingly, superior performance was exhibited for the 

filtered listening condition (i.e., the simulated hearing loss condition) in the 

continuous noise condition. No interactions of main effects were significant in 

either noise condition (p> .05). 

Discussion 

The findings of this experiment with the simulated high-frequency 

hearing loss are, in general, consistent with the previous findings. Performance 

was superior in quiet, improved with increases in S N regardless of noise 

condition, and a release of masking was observed in the interrupted noise 

relative to the continuous noise. 

It was anticipated that theie would be no significant differences between 

the filtered and unfiltered listening conditions This hypothesis was based on 

the observation that there is little acoustic information above 4000 Hz that 
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contributes to recognition of consonant-vowel-consonant monosyllabic words 

(Egan & Wiener, 1946, French & Steinberg, 1947; Pollack, 1948). In that light 

the absence of Group effects in quiet and interrupted noise are no surprise. A 

significant Group effect was observed only in the continuous broadband noise 

condition. It was somewhat unexpected that the filtered listening condition was 

superior to the unfiltered listening. This circumstance may be a consequence of 

practice. It should be noted that the participants, over the course of two 

experiments, listened to each of the four NU-6 lists seven or eight time~ under 

various background conditions. Considering this, it is not surprising that they 

would gam some familiarity with the speech stimuli. A practice effect has been 

reported while testing speech recognition in noise (Jerger, Malrnqwst, & 

Speaks, 1966; Shore, Bilger, & Hirsh, 1960). 

The finding that performance in both noise conditions was not inferior in 

the simulated hearing loss above 4000 Hz sheds some light on the 

interpretation of the previous experimental results Although not conclusive, it 

does dimmish the suggestion that the differences in high-frequency hearing 

sensitivity between the ONH and YNH group contributes to performance 

differences in word recognition in continuous and interrupted noise. 

w 



General Discussion 

Summary of Experimental Findings 

In the first experiment of this dissertation, it was hypothesized that on 

tasks challenging the temporal resolving capacity of the auditory system, a 

listener's performance should be governed by the functional ability of their 

cochlear output channels. The more channels available, and particularly the 

more high-frequency channels where temporal resolving capabilities are better, 

the better performance should be. It was hypothesized that if hearing-impaired 

subjects' detriment in performance on tasks, revealing auditory temporal 

processing, was a repercussion of restricted low-frequency channel capacity, 

normal-hearing subjects should exhibit a similar disadvantage in performance 

on the same task if studied under conditions that simulate a high-frequency 

hearing loss. Employing the D.P. Phillips et al (1994) interrupted noise 

paradigm, it was found that the normal-hearing participants with a simulated 

high-frequency hearing loss displayed poorer performance in the interrupted 

broadband noise but not in the continuous broadband noise, relative to their 

normal listening performance. The spectra of the two noises were essentially 

the same and they differed only in their temporal properties As such. 

performance differences had to be tied to the temporal dissimilarities of the two 

noises. It was concluded that the performance deficit the normal-hearing 

participants displayed in the interrupted noise was a consequence of restricted 

auditory bandwidth. That is, their less-than-favorable performance in the 

interrupted noise was attributed to their selective use of low-frequency cochlear 

channels, which are normal, but have inherently poorer temporal resolution 

abilities. The inability to resolve speech information between noise bursts is a 

form of temporal processing deficit. 
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The effect of presentation level on word recognition performance-

intensity functions in both continuous and interrupted broadband noise was 

explored in the second experiment. Normal-hearing participants were tested at 

30 and 50 dB SL. It was discovered that there was an effect of presentation 

level on word recognition performance in the interrupted noise only. These 

findings revealed differing processes underlying listening in both noises. In 

continuous noise, performance is contingent on spectral audibility. In other 

words, the recognition of speech stimuli is govern by audibility of that speech 

stimulus. For any masker/maskee combination, once a masker has caused a 

threshold shift, further increases in the masker level result in a linear equal dB 

shift in the maskee threshold. Intelligibility of speech in noise is linear for SLs of 

noise from 20 to 90 dB ( Hawkins & Stevens, 1950). Because this linear 

relationship exists, and since relative levels of masker and speech were 

maintained when shifting SL (i.e., the S/Ns were the same in both SL 

presentations), performance-intensity function shapes were preserved. The 

relationship of the speech stimuli and competing noise remained the same at 

the two suprathreshold levels and consequently the audibility of the speech 

stimuli remained the same as well (i.e., the performance-intensity function 

remained the same). In the interrupted noise, it was concluded that listening 

was influenced by forward and backward masking. The silent intervals between 

bursts of noise are subject to spill-over from the noise as a consequence of 

forward and backward masking. The time for recovery from forward and 

backward masking is independent on the masker level, and as a result, the 

slopes of backward and forward masking become steeper at increasing masker 

levels. It stood to reason that superior performance in interrupted noise at the 

higher 50 dB SL occurred because a of greater release from masking. That is, 

since the decay of masking was more gradual at 30 dB SL, the silent gaps 

P 
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between noise bursts were less effective than at 50 dB SL With higher masker 

levels the masking decayed faster, increasing both the depth and width of the 

silent gaps 

In the third experiment of the dissertation, performance-intensity functions 

for word recognition, in continuous and intenuptea broadband noise as a 

function of S/N, were examined among young normal-hearing adults, 

rognitively-mtact older normal-hearing adults, and cognitive'y intact age 

matched presbycusic adults Group differences in performance were found ir 

all experimental conditions of quiet, continuous and interrupted broadband 

noise. Both normal-hearing groups displayed superior performance m quiet to 

the presbycusic participants It was induced that the difference was due to the 

reduced hearing sensitivity above 2000 Hz in the hearing impaired group It 

wac noted that the presentation level for the speech stimuli was at 30 dB SL 

and maximum performance fot piesbycusic Iisteners is not often attained until 

SL presentation is greater than 40 dB In both noises word recognition scores 

increased with improving S/Ns and were more favorable in the interrupted 

broadband noise for all groups of participants The YNH group s performance 

was superior followed by the ONH and OHI group's performance for both noise 

conditions The OHI group's lower performance was not surprising Reduced 

high-frequency audibility and poorer frequency resolution along with restricted 

low-frequency channel capacity were identified as being responsible for 

performance detriments in the continuous and interrupted broadband noise 

respectively It was speculated that the differences ir performance between the 

YNH and ONH participants could be a consequence of either reduced auditory 

bandwidth above 4000 Hz available to the older participants inherent 

pe-ipheral or central distortion in the older auditory system, and/or nonauditory 

cenfal effects or linguistic incompetence There was diminished appeal for the 

I 
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first and last explanation: Little acoustic information above 4000 Hz contributes 

to recognition of consonant-vowel-consonant monosyllabic words. Cognitive 

and linguistic screening procedures were employed and the word recognition 

task is not particularly cognitively or linguistically demanding. The significant 

linear relationship between absolute hearing sensitivity and word recognition 

performance among the older listeners suggested that the dichotomization of 

normal-hearing versus hearing-impaired may be an oversimplification. The 

trend of the data in Figure 17 also suggested that the dichotomization of young 

versus old may also be oversimplified and possibly misleading. It may be more 

appropriate to view changin tuditory function with aging as a gradual process 

and not a static dichotomy of young versus old or normu ,. aring versus 

hearing-impaired. That is, with aging one sees a progressive deterioration of 

absolute sensitivity and suprathreshold processing. The observed 

suprathreshold performance differences between the three groups may then be 

perceived as points on a continuum where the OHI group's performance is 

further from the two normal-hearing groups, exacerbated by poorer absolute 

hearing sensitivity. 

Normal-hearing participants' performance in continuous and interrupted 

broadband noise as a function of S/N with and without a simulated high-

frequency hearing loss above 4000 Hz was examined in the final experiment of 

the dissertation. This experiment was undertaken in an effort to shed light on 

the contribution of audibility above 4000 Hz to word recognition performance. 

Performance in quiet and interrupted broadband noise were equivalent with the 

simulated hearing loss and without. Performance in the continuous broadband 

noise condition was, surprisingly, slightly superior for the simulated hearing 

loss. This effect was attributed to practice. The finding that performance in both 

noise conditions was not inferior with the simulated hearing loss above 4000 

i I 
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Hz, although not conclusive, diminished the suggestion that the differences in 

high-frequency hearing sensitivity between the ONH and YNH group 

contributed to their performance differences in word recognition in continuous 

and interrupted noise. 

Do Older Listeners Have a Temporal Resolution Deficit? 

It was noted above that auditory temporal resolution refers to the ability of 

a listener to resolve or separate auditory events and/or detect changes in 

auditory stimuli over time. As well, auditory temporal phenomena are revealed 

differently depending on the psychophysical technique engaged. Research 

investigating performance of presbycusic Iisteners on tasks revealing temporal 

phenomena have been equivocal, as with other Iisteners suffering from 

sensorineural hearing impairment. It was suggested that differences among 

studies may be attributed to varying task demands that either exploit impaired 

(typically high-frequency) cochlear channel deficits or equate performance with 

tasks designed for normal functioning (typically low-frequency) cochlear 

channels. It has also been suggested that the more demanding the perceptual 

task, the more sensitive it will be in detecting auditory dysfunction. It was also 

speculated that where differences have not been found between young and 

older listeners, it may be a result of performance indices not being sufficiently 

demanding. In studies where differences in hearing sensitivity have been 

controlled, performance differences have been attributed to age-related 

changes in the auditory system (i.e., specifically central auditory changes). 

It was outlined above that the interrupted noise paradigm could reveal 

auditory temporal phenomena. Adequate temporal resolution is required as the 

listener must sustain the '.emporal gaps in the masker thereby taking advantage 

of the favorable S/Ns. The release from masking in interrupted noise must be 

limited by the auditory system's ability to resolve acoustic information in the 
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silent gaps between the successive noise bursts. The interrupted noise 

paradigm can reveal, not only expected deficits in temporal processing 

associated with the peripheral heanng loss in presbycusic Iisteners but also, 

any deficit that may be a consequence of central auditory factors independent of 

the peripheral pathology. 

As to the question "Do older listeners have a temporal resolution 

deficit?", the answer with the interrupted noise paradigm has to be a definitive 

yes. Older normal-hearing listeners and participants suffering from presbycusis 

exhibited poorer performance in the interrupted noise compared to young 

normal-hearing listeners. Intuitively, one must conclude that if the task makes 

demands on the temporal resolving capability of the auditory system, then the 

auditory system of older listeners must have impoverished temporal resolution. 

Although the task is somewhat artificial and does not exactly mimic everyday 

listening conditions, it is similar in that listeners are often presented with the task 

of attempting to understand speech in background noise that fluctuates and is 

intermittent. The perceptual difficulty displayed by the older listeners in the 

interrupted noise task may be akin to the difficulties experienced in the real 

world. 

Dealing with the question "Do older listeners have a temporal resolution 

deficit?" may be problematic because of the lack of consensus as to how to 

define temporal resolution or what temporal processing entails (Moore et al., 

1989; Phillips, 1995). This has been particularly burdensome with hearing-

impaired Iisteners. Central to this point is the need to appreciate differences 

between what information is provided by task performance, the perceptual 

difficulty(s) experienced by the listeners, and the underlying process involved in 

the impairment. "The description of a listener as having a disorder of temporal 

processing actually provides little information about what perceptual processes 
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are impaired" (Phillips, pp 342-343). Moore, on defining temporal resolution, 

states: 

If it is defined operationally, for example, as the threshold measured in a 

particular task such as gap detection, this leads to the conclusion that 

cochlear impairment does sometimes lead to reduced temporal resolution. 

If, on the other hand, it is defined in terms of the parameters of a model of the 

underlying processes (for example, the ERD [equivalent rectangular 

duration] of the temporal window), then we would conclude that there is little 

or no evidence that the cochlear impairment leads to deficits in temporal 

resolution. The first definition may be more helpful in understanding the 

difficulties experienced by the hearing impaired The second definition may 

be more helpful in understanding the underlying processes (Moore p 

1274) 

The bottom line is that if performance is impaired on a task that reveals temporal 

phenomena, one may conclude that the listener has impaired temporal 

resolution ability for that task. The task performance may say nothing about the 

underlying process governing that performance. One can only make inferences 

from the task performance to the perceptual difficulties experienced by the 

listener in everyday life. 

Where is the Temporal Resolution Deficit in the Older Listener? 

Recall that the model of temporal resolution, proposed by Moore (1989, 

1993), envisioned stimuli passing in series through four stages from the 

periphery to the central nervous system: bandpass auditory filter, nonlinear 

square-law device, temporal integrator or temporal window, and a central 

decision device. As the first two stages of the model were conceptualized as 

occurring in cochlea while the latter two stages in the central auditory system, it 
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was obvious that temporal resolution deficits could either be peripheral or 

central in nature. 

The findings of the first experiment, where performance was examir 3d 

among normal-hearing Iisteners with and without a simulated hearing loss, and 

those of D.P. Phillips et al. (1994) confirmed that restricted low-frequency 

auditory channel bandwidth listening can account for deficits in word 

recognition with competing interrupted noise. This confirms the notion that low-

frequency auditory channels have inferior temporal resolving abilities at least in 

the word recognition in continuous/interrupted noise paradigm employed here 

The findings do not, admittedly, address directly what factor(s) may be 

responsible for impoverished performance among some Iisteners. It may be the 

case that inherently longer response times of peripheral low-frequency channel 

filters, as a consequence of longer ringing after the offset of stimulus input 

relative to high-frequency channel filters, are responsible for poorer temporal 

resolution. On the other hand, it may be the case that peripheral manipulation 

(e g., lowpass filtering as employed in Experiment 1) or peripheral high-

frequency hearing ioss (e.g., as investigated by D.P. Phillips, 1994) reveals an 

inherently inferior, although normal, central mechanism. For example, the 

shape of the ear's temporal window/integrator increases slightly with 

decreasing center frequency (Plack & Moore, 1990). Temporal resolution may 

be infenor due to longer central integration as a consequence of broader 

temporal windows. Finally, it may be the case that an interaction of both 

peripheral and central factors are responsible for impaired performance. 

Depressed word ecognition performance accompanying reduced high-

frequency bandwidth must then, inevitably, be viewed as a consequence of 

either a factor(s) in the peripheral (e.g., ringing in the auditory filters) or central 
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(e.g , broader temporal windows) auditory system and/or an interaction of 

peripheral and central factors. 

The results of Middelweerd et al (199C) and Rappaport etal (1994) 

suggested that word recognition performance evaluated against a time-varying 

competing stimulus (i.e., amplitude-modulated or interrupted) may reveal 

central auditory dysfunction among Iisteners with normal peripheral auditory 

function. Unfortunately, the findings of the third study cannot definitively ascribe 

tha performance detriments, observed in the older listeners, to either peripheral 

or central dysfunction alone. Obviously the poorest performance by the OHI 

group has a peripheral component, namely their reduced auditory bandwidth 

The central anatomical, histological, phy^ological, and morphological changes 

observed in both the human and animals mvite the possibility of a central 

component to the older 'istener's poorer performance It is acknowledged that 

these central auditory system changes may be evoked by long standing 

peripheral hearing loss. Again, although structural changes are observed in the 

organism, their functional significance remains to be demonstrated 

Willott (1991) suggests that separation of peripheral and central auditory 

dysfunction in the presbycusic listener may be impossible for two reasons First, 

impaired peripheral input to the central auditory system will likely disadvantage 

central processing. Second, the response properties of the central auditory 

system may become modified following prolonged exposure to distorted or 

attenuated input from an impaired periphery In this regard, studies in animals 

have shown that even in adults, focal peripheral lesions can lead to dramatic 

changes in the central "representation" of the cochlea (e.g., Harrison, 

Nagasawa, Smith, Stanton, & Mount, 1991; Rajan, Irvine, Wise, & Heil, 1993; 

Robertson & Irvine, 1989; Willott, Aitkin, & McFadden, 1993). even if one does 
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not know what functions the rewired tissue can support Willott suggests that it 

may be fruitful to adopt an interactive approach That is, 

resolution of the question of the contributions of cognitive-linguistic, 

peripheral, and central processes to speech perception may be reached by 

implicating all three in an interactive mechanism. .The term "interactive" is 

preferred in the present context because of its generality. An interaction can 

be multiplicative, but it can also be occlusive, additive, or even subtractive It 

seems that such instances may often apply to presbycusis From the 

interactive perspective, the most important questions do not involve "which" 

age-related change is responsible for deficiencies in speech The questions 

center on the contribution of each and the manner in which they interact 

(Willott, pp 245-246) 

Proposed Mechanisms tor Impaired Performance in Interrupted Noise by 

Presbycusic Listeners 

It was suggested earlier that two phenomena were responsible for the 

masking effect on speech intelligibility observed in interrupted noise with 

monosyllabic stimuli. The first was due to the simultaneous masking during the 

noise burst while the other was temporal masking during the inter-burst interval 

(Dirks et al., 1969, Dirks & Bower, 1970) It was suggested that the silent 

intervals were not immune from the influence of noise bounding them They 

were subject to spill-over from the noise as a consequence of forward and 

backward masking. In order for the listener to acquire a release from 

interrupted masking, relative to continuous masking, he/she has to sustain the 

temporal gaps in the masker thereby taking advantage of the favorable S/Ns. 

The release from masking in interrupted noise is therefore limited by the 

auditory system's ability to resolve acoustic information in the silent gaps 

between the successive noise bursts. Presbycusic Iisteners are able to achieve 
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a release from masking; however, they are not as efficient as normal-heanng 

Iisteners. In other words, listeners with presbycusis have a temporal resolution 

deficit compared to normal-hearing listeners 

What are the mechanisms underlying the deficit? During the noise 

bursts, presbycusic iisteners are compromised at high frequencies by poor 

audibility and poorer frequency resolution as a consequence of broadened 

insensitive auditory filters in the impaired region of the cochlea The broad 

auditory filters make them more susceptible to interference from noise That is, 

a broadened filter passes more noise components and, thereby, reducing the 

effective S/N and making detection of the speech signal more difficult As well, 

the absence of normal sharp frequency tuning curves, accompanying broad 

auditory filters, underlies an inability to resolve spectral peaks and valleys in 

speech. This may be the case, as well, in the low frequency regions despite 

their normal or near normal auditory thresholds. Auditory filters have been 

found to be abnormal in hearing-impaired Iisteners where their auditory 

sensitivity is normal or near normal (Lutman et a l , 1991; Pick & Evans, 1983-

Wightman et al., 1977). 

The effective glimpsing during the silent intervals between the noise 

bursts is governed by forward and backward masking effects The reduced 

release from masking experience by the hearing-impaired listeners in the high 

frequencies is a consequence of strong temporal masking at low sensation 

levels. The recovery from masking depends on the sensory response evoked 

by the masking stimulus (Nelson & Freyman, 1987). Due to their reduced 

hearing sensitivity, the masker is received at a much lower sensation level. 

That is, "large sensitivity losses reduce the sensory response to high SPL 

maskers so that the recovery process is slower, much like the recovery process 

for low-level stimuli in normal-hearing listeners" (Nelson & Freyman, p.709). 

I 
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This is what was observed in the second experiment with the normal-hearing 

Iisteners at the lower SL presentation. The release from masking in the lower 

frequencies may be a consequence of reduced auditory filter width. Recall that 

bandwidths of auditory filters decrease with decreasing frequency. Further, 

auditory filters nng after the offset of input and the decay of the ringing is 

inversely proportional to the bandwidth of the filter. Presbycusic listeners' 

detriment in performance may be a consequence of restricted low-frequency 

channel capacity where temporal resolution is inherently inferior due to post 

stimulus presentation ringing in the auditory filters. An additional downside of 

low frequency channels is that temporal windows, as well, broaden (Plack & 

Moore, 1990). Recall that the broader the temporal window, the longer the 

temporal integration or poorer the resolution. 

The contribution of comodulation masking release has been suggested 

to play a small role in the release from masking observed in time-varying 

maskers (Festen, 1993; Festen & Plomp, 1990). Comodulation masking 

release is an across-frequency mechanism which provide the means for the 

auditory system to integrate cues in the company of a signal from different 

frequency bands and to acquire a lower threshold than without masker 

comodulation (Hall, Haggard, & Fernandes, 198-*). The effective release from 

masking was only 1.3 dB for speech reception threshold masked by an 

interfering voice (Festen). Comodulation masking release is not significantly 

different among young and older listeners where their hearing sensitivity is 

relatively normal (Peters & Hall, 1994). 

The mechanisms contributing to the impaired performance of the 

presbycusic listener to this point have been accounted for by peripheral 

attributes. It was suggested abov? that there may be inherent suprathreshold 

distortion within the older auditory system. In terms of temporal resolution, they 
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could take the form of changes in the temporal integrator or decision oevice A 

broadened temporal window and/or reduced sensitivity of the decision device 

would impair the temporal resolving capacity of the listener. If these changes 

accompany aging they would exacerbate the peripheral dysfunction in the 

presbycusic listener. This is highly speculative and there is no available 

research to provide insight into this matter. 

Comparing the Performance Between Normal-Hearing Listeners with 

Simulated Hearing Loss and Hearing-Impaired Listeners 

It is worthy to note in Experiment 1 that although the normal-hearing 

participants with the simulated hearing loss in the interrupted noise condition 

matched the effect of the performance of the sensorineural impaired group of 

D.P. Phillips et al. (1994) study, the effect size was modestly reduced This is 

consistent with other reports that note although performance of normal Iisteners, 

with simulated hearing losses, mimics cochlear hearing-impaired subjects on 

temporal resolution tasks, it is superior (Humes, 1990; Zwicker & Schorn, 1982). 

This is not entirely surprising considering that distortions may be imposed by 

the impaired cochlea (Plomp, 1978, 1986). 

This raises the issue of comparing the performance between normal-

hearing listeners with simulated hearing loss and hearing-impaired listeners. It 

is recognized that modeling hearing-impairment with low-pass filtering is 

imperfect as normal-hearing listeners' suprathreshold cochlear function (e.g., 

loudness recruitment) above the cutoff frequency is normal while to the contrary 

with cochlear impairment. Further, the simulated hearing loss via filtering in 

Experiment 1 and 4 did not match perfectly the actual loss of the D.P. Phillips et 

al. (1994) participants nor the OHI participants. Narrowband noise masking 

may have been used as an alternative to simulate hearing impairment as it can 

shift thresholds in specific frequency regions and simulate loudness recruitment 



L I 

144 

in those regions. It is should be recognized, however, that low-pass filtering 

may be a better approximation of hearing-impairment than narrowband noise 

masking for several reasons. The first, is that it has been demonstrated that 

employing noise-masked normal listeners as a model of sensorineural hearing 

loss "cannot account for data from impaired listeners on various measures of 

temporal resolution"(Humes, Espinoza-Varas, & Watson, 1988, p. 200). 

Second, physiological data suggests that noise masking does not imitate 

peripheral auditory function in the impaired cochlea (Phillips, 1987; Phillips & 

Hall, 1986). Finally, in the only study comparing filtering and narrowband noise 

masking to simulate hearing loss, the latter has tailed to provide a better 

simulation of hearing loss than the former (Fabry & Van Tasell, 1986). At any 

length, caution must be exercised when generalizing findings from normal-

hearing listeners with simulated hearing-impairments to the cochlear 

impairment. 

Future Research 

As is usually the case with most research, when one project ends it 

spawns numerous others. Many questions have arisen through the course of 

this work. The first is whether the temporal resolution deficit, evident among the 

presbycusic participants here, would be found in other listeners with different 

cochlear (e.g., Meniere's disease) or retrocochlear pathology (e.g., eighth 

nerve or temporal lobe lesions)? A forth group of participants (i.e., young 

listeners with matched hearing-impairment to the presbycusic participants) was 

to be included in the third experiment of the dissertation. The restricted 

availability of these individuals precluded their inclusion. Testing hearing loss 

matched young and older listeners may provide insights into any differences in 

central auditory processing between the two. It would be of interest to evaluate 

other hearing-impaired listeners with different audiometric configurations (e.g., 
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impaired low-frequency sensitivity with normal high-frequency thresholds aud 

listeners with "flat" hearing losses). It also remains to be seem whether listeners 

who display impoverished temporal resolution with the paradigm, show similar 

detriments on other temporal resolution tasks. Finally, there is a need for more 

comprehensive evaluation of developmental effects on word recognition in 

competing stimuli. It was suggested that aging be viewed as a progressive as 

opposed to a static dichotomy of young versus old. A comprehensive 

development study from the first decade of life may reveal an initial 

improvement in performance followed by a progressive deterioration in 

advancing years. 



FOOTNOTES 

'The most common methods of inferring frequency selectivity is to 

measure the psychophysical tuning curve (e.g., Moore, 1978, Zwicker, 1974) or 

to calculate the auditory filter shape from thresholds of tonal signals in various 

noise maskers (e.g., Houtgast, 1977; Patterson, 1976). The psychophysical 

tuning curve resembles the inverted filter shape and shows marked asymmetry 

in the "tails" of the filter far from the center frequency. The derived filter shape is 

for the most part symmetncal at moderate intensities. The discrepancy in filter 

shapes arises in large part from the fact that psychophysical tuning curves are 

plotted on a logarithmic scale while derived filters are plotted on a linear scale 

(Glasberg et al., 1984). 

2The power of each tract was determined using the formula- P = 1/L * 

£ t _ 0 s2 (t) * dt where P = signal power (W); L = length of track (s); s(t) = sample 

value @ time = t; and dt = sampling interval (50 jas). 

3Cohen (1977) suggests the size of an effect be described as small, 

medium, or large based on the value of co2. Experiments that produce co2 of 

.01, .06, or .15 are deemed to have small, medium, and large effect sizes, 

respectively. 

4 ln fixed effects factorial ANOVAs a distinction has been made between 

the standard omega squared and a partial omega squared (e g., Keppel, 1991, 

Keren & Lewis, 1979). The standard definition reiates the variance estimate of 

factor X to a variance estimate of all sources variance in the design This 

procedure which is adopted for single-factor between subjects designs has 

been challenged with factorial designs. Keppel (1991; personal 

communication, April 21,1995) advocates a definition that is continuous with 

the single factor between-subjects design regardless of the experimental 

146 
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complexity. The differences in the definitions relates to the definition of the 

denominator summing the variance component for the effect and the error One 

may sum the estimated variance components for all sources in the analysis 

or just the variance component for the effect and the error associated with the 

effect only. The definition for partial omega squared chooses the latter (Keppel, 

1991; Keren & Lewis). As such, "effects other than the one under consideration 

have been partialled out" (Keren & Lewis, p. 123). 

^The effect is more pronounced with forward masking than backward 

masking. A number of researchers have questioned the nonlinear relationship 

between backward masker level and maskee level (e.g , Fasti, 1976; Moore, 

1989) due to the poor reproducibility and large mtersubject variability. 

^Scores of 20 or less are "found essentially in patients with dementia, 

delirium, schizophrenia or affective disorder and not in normal elderly people ." 

(Folstem et al., p. 196). 



APPENDIX 

The purpose of this test is to determine how you perceive words in 

listening conditions of quiet an^ r.oise. Each word you will hear will have one 

syllable like "boat" or "home". Each time you hear a word just repeat it. 

Sometimes the words will be difficult to understand. It is okay to guess on these 

words. Do you have any questions9 

148 



REFERENCES 

Abel, S.M., Krever. E.M., & Albert), P.W. (1990). Auditory detection. 

discrimination and speech processing in ageing, noise-sensitive and hearing 

impaired Iisteners. Scandinavian Audiology, 19, 43-54. 

American National Standards Institute (1989). Specifications for 

audiometers. (ANSI S3.6-1989). New York: ANSI. 

American National Standards Institute (1977) Criteiia for permissible 

ambient noise during audiometeric testing. (ANSI S3 1-1977). New York 

ANSI. 

American Speech-Language-Hearing Association (1990). Guidelines for 

sceening for hearing impairments and middle ear disorders Asha, 32 (Suppi 

2), 17-24. 

Aniansson, G. (1974\ Methods for assess,rg nigh frequency hearing 

loss in every-day listening situations Acta Oto-laryngologica Supplement. 320. 

1-50. 

Arlinger. S., & Dryselius. H. (1990) Speech recognition in noise. 

temporal and spectral resolution and impaired hearing Acta Oto-laryngologica 

Supplement 469, 30-37. 

Arnesen, A R. (1982). Presbycusic toss of neurons m the human 

cochlear nuclei. Journal of Laryngology and Otology. 96. 503-511. 

Bacon, S.P., & Gleitman, R.M. (1992). Modulation detection in subjects 

with relatively flat hearing losses Journal of Speech and Hearing Research. 

35. 642-653. 

Bacon, S.P., Opie, J.M,. & Montoya D Y. (1994s. Speech recognition 

thresholds in temporally complex backgrounds. Effects of hearing loss and 

noise masking. Journal of the Acoustical Society of America. 95, 2993. 

149 



i 

150 

Bacon, S.P , & Viemeister, N.F. (1985). Temporal modulation transfer 

functions in normal-hearing and hearing-impaired listeners Audiology, 24, 

117-134. 

Beattie, R.C., Edgerton, B J , & Svihovec, D V (1977) A comparison of 

the Auditec of St. Louis cassette recordings of NU-6 and CID W-22 on a normal-

hearing population. Journal of Speech and Hearing Disorders, 42. 60-64 

Bergman, M. (1980). Aging and the perception of speech. Baltimore, 

MD: University Park Press. 

Bess, F.H (1983) Clinical assessment of speech recognition. In D F. 

Konkle & W.F. Rintelmann (Eds.), Principals of speech audiometry (pp 127-

202). Baltimore, MD: University Park Press 

Bess, F.H., Josey, A.F., & Humes, LE. (1979). Performance intensity 

functions in cocniear and eighth nerve disorders. American Journal of Otology, 

1, 27-31 

Bess, F H , Lichtenstein, M J., & Logan, S A (1991) Audiologic 

assessment of the elderly. In W.F. Rintelmann (Ed.), Hearing assessment (2nd 

ed.,pp 511-548.). Austin, TX PRO-ED 

Birren, J.E., Woods, A.M., & Williams, M.V. (1980). Behavioral slowing 

with age. Causes, organization, and consequences. In L W. Poon (Ed ), Aging 

in the 1980s: Psychological issues (pp. 293-308). Washington, DC' American 

Psychological Association 

Bonding, P. (1979). Frequency selectivity and speech discrimination in 

sensorineural hearing loss. Scandinavian Audiology, 8, 205-215. 

Bonding, P., Elberhng, C, Barfod, J., Florentine, M. (1978). Estimation of 

critical bandwidth from loudness summation data Scandinavian Audiology, 7, 

91-97. 

• 



I 

151 

Brant, L.J., & Fozard, J.L (1990). Age changes in pure-tone thresholds in 

a longitudinal study of normal human hearing. Journal of the Acoustical Society 

of America, 88, 813-820. 

Brody, H. (1955). Organization of the cerebral cortex. III. A study of aging 

in the human cerebral cortex Journal of Comparative Neurology. 102, 511 -

556. 

Buschke, H., & Fuld, P.A. (1974). Evaluating storage, retention, and 

retrieval in disordered memory and learning. Neurology, 24. 1019-1025 

Buus, S., & Florentine, M, (1985) Gap detection in normal and impaired 

Iisteners: The effect of level and frequency. In A, Michelsen (Ed.), Time 

resolution in auditory systems (pp 159-179) Berlin Springer-Verlag 

Calearo, C, Teatini, G.P., & Pestalozza, G. (1962). Speech .ntelligibihty 

in the presence of interrupted noise. Journal of Auditory Research. 2.1 '9-186 

Carhart R., & Tillman, T.W (1970). Interaction of competing speech 

signals with hearing losses. Archives of Otolaryngology. 91, 273-279 

Carhart R., Tillman, T.W., & Greetis. E S. (1969) Perceptual masking m 

multiple sound backgrounds. Journal of the Acoustical Society of America. 45 

694-703. 

Carhart R., Tillman, T.W., & Johnson. K R. (1966) Binaural masking of 

speech by periodically modulated noise. Journal of the Acoustical Society of 

America, 39, 1037-1050. 

Casey, M.A., & Feldman, M.L. (1982). Aging in the rat medial nucleus of 

the trapezoid body. I. Light microscopy. Neurobiology of Aging, 3, 187-195. 

Casey, M.A , & Feldman, M.L. (1985a). Aging in rat the medial nucleus of 

the trapezoid body. II. Electron microscopy. Journal of Comparative Neurology, 

232, 401-413. 



152 

Casey, M.A., & Feldman, M L. (1985b). Aging in the rat medial nucleus of 

the trapezoid body. III. Alterations in capillanes. Neurobiology of Aging, 6, 39-

46. 

Cobb, F.E., Jacobson, G.P., Newman, C.W., Kretschmer, L.W., & 

Donnelly, K.A. (1993). Age-associated degeneration of backward masking task 

performance: Evidence of declining temporal resolution abilities in normal 

listeners. Audiology, 32, 260-271. 

Cohen, J. (1977). Statistical power analysis for the behavioral sciences 

(Rev. ed.). New York: Academic Press. 

Cohen, J., & Cohen, P. (1983). Applied multiple regression/correlation 

analysis for the behavioral sciences (2nd ed.). Hillsdale, NJ: Lawrence 

Erlbaum Associates. 

Cohen, R.L., & Keith, R.W. (1976). Use of low-pass noise in word 

recognition. Journal of Speech and Hearing Disorders, 19, 48-54. 

Cooper, J.C., & Cutts, B.P. (1971). Speech discrimination in noise. 

Journal of Speech and Hearing Research, 14, 332-337. 

Corso, J.F. (1963). Age and sex differences in pure-tone thresholds. 

Archives of Otolaryngology, 77, 385-^ 05. 

Cranforc', J.L, Boose, M., & Moore, C.A. (1990). Effects of aging on the 

precedence effect in sound localization. Journal of Speech and Hearing 

Research, 33, 654-659. 

Cranford, J.L., & Martin, D.R. (1991). Age-related changes in binaural 

processing: I. Evoked potentials. American Journal of Otology, 12, 357-364. 

Cranford, J.L., & Romereim, B. (1992). Precedence effect and speech 

understanding in elderly listeners. Journal of the American Academy of 

Audiology, 3, 405-409. 

! 



153 

Cudahy, E. (1977). Backward and forward masking in normal and 

hearing-impaired listeners Journal of the Acoustical Society of America, 62, 

S59. 

Cudahy, E., & Elliot, L.L. (1975). Temporal processing in noise by 

persons with noise-induced and age-related hearing loss. Journal of the 

Acoustical Society of America, 58, S71. 

Cudahy, E., & Elliot, L.L. (1976). Temporal masking patterns for h&anng-

impaired and normal listeners. Journal of the Acoustical Society of America, 59. 

S2. 

Danhauer, J.L, Dolye, P.C , & Luks, L. (1985). Effects of noise on NST 

and NU-6 stimuli. Ear ana Hearing, 6, 266-269. 

Danaher, E.M., Osberger, M.J., Pickett, J.M. (1973). Discrimination of 

formant frequency transitions in synthetic vowels. Journal of Speech and 

Hearing Research, 16, 439-451. 

Danaher, E.M., & Pickett, J.M (1975) Some masking effects produced 

low-frequency vowel formants in persons with sensorineural loss Journal of 

Speech and Hearing Research, 18, 261-271. 

Danaher, E.M., Wilson, M.P., & Pickett. J.M. (1978). Backward and 

forward masking in listeners with severe sensorineural hearing loss. Audiology. 

17, 324-338. 

Davis, A.C. (1989). The prevalence of hearing impairment and reported 

hearing disability among adults in Great Britain. International Journal of 

Epidemiology, 18, 901-907. 

Dayal, V.S., Kane, N., & Medelsohn, M. (1970). Patterns of pure-tone 

hearing loss. Acta Otc-laryngologica, 69, 329-332. 

de Laat, J.A.P.M., & Plomp, R. (1983). The reception threshold of 

interrupted speech for hearing impaired Iisteners. In R. Klinke & R. Hartman 

i 



154 

(Eds.), Hearing - Physiological bases and psychophysics (pp. 359-363). Berlin: 

Springer-Verlag. 

Department of Veterans Affairs (1989). Speech recognition and 

identification materials, disc 1 [Compact Disc]. Long Beach, CA. 

Dirks, D.D., & Bower, D.R. (1970). Effect of forward and backward 

masking or. speech intelligibility. Journal of the Acoustical Society of America, 

47, 1003-1008. 

Dirks, D.D., & Bower, D.R. (1971). Influence of pulsed masking on 

spondee words. Journal of the Acoustical Society of America, 50, 1204-1207. 

Dirks, D.D., Kamm, C, Bower, D., & Betsworth, A. (1977). Use of 

performance-intensity functions for diagnosis. Journal of Speech and Hearing 

Disorders, 42, 408-415. 

Dirks, D.D., Wilson, R.H., <i Bower, D.R. (1969). Effect of pulsed masking 

on selected speech materials. Journal of the Acoustical Society of America, 46, 

898-906. 

Dreschler, W.A., & Festen, J.M. (1986). The effect of hearing impairment 

on auditory filter shapes in simultaneous masking and forward masking. In 

B.C.J. Moore & R.D. Patterson (Eds.), Auditory frequency selectivity (pp. 331-

338). 

Dreschler, W.A., & Leeuw, A.R. (1990). Speech reception in 

reverberation related to temporal resolution. Journal of Speech and Hearing 

Research, 33, 181-187. 

Dreschler, W.A., & Plomp. R. (1980). Relations between psychophysical 

data and speech perception for hearing-impaired subjects. I Journal of the 

Acoustical Society of America, 68, 1601 -1615. 



155 

Dreschler, W.A , & Plomp, R. (1985). Relations between psychophysical 

data and speech perception for hearing-impaired subjects. II Journal of the 

Acoustical Society of America, 78, 1261-1270. 

Duara, R., London, E.D., & Rapoport, S.I. (1985). Changes in structure 

and energy metabolism of the aging brain. In C.E. Finch & E.L. Schneider 

(Eds.), Handbook of the biology of aging (2nd ed., pp. 595-616). New York' 

Van Nostrand Reinholt. 

Dubno, J.R., & Dirks, D.D. (1990). Associations among frequency and 

temporal resolution and consona.it recognition for hearing-impaired listeners. 

Acta Oto-laryngologica Supplement, 469, 23-29. 

Dubno, J.R., Dirks, D.D., & Morgan, D.E. (1984). Effects of age and mild 

hearing loss on speech recognition in noise. Journal of the Acoustical Society 

of America, 76, 87-96 

Dunn, L.M., & Dunn, L.M. (1981). Peabody Picture Vocabulary rest-

Revised. Circle Pines, MN: American Guidance Service. 

Duquesnoy, A.J. (1983a). Effect of a single interfering noise or speech 

source upon binaural sentence intelligibility of aged persons. Journal of the 

Acoustical Society of America, 74, 739-743. 

Duquesnoy, A.J. (1983b). The inte'ligibility of sentences in quiet and in 

noise in aged listeners. Journal of the Acoustical Society of America, 74, 113b-

1144. 

Duquesnoy, A.J., & Plomp, R. (1980). Effect of reverberation and noise 

on the intelligibility of sentences in cases of presbycusis. Journal of the 

Acoustical Society of America, 68, 537-544. 

Egan, J.P., & Wiener, F.M. (1946). On the intelligibility of bands of 

speech. Journal of the Acoustical Society of America, 18, 435-441. 

http://consona.it


156 

Eisenberg, L.S., Dirks, D.D., & Bell, T.S. (1995). Speech recognition in 

amplitude-modulated noise of listeners with normal and listeners with impaired 

hearing. Journal Speech and Hearing Research, 38, 222-233. 

Elliot, L.L. (1962a). Backward masking: Monotic and dichotic conditions. 

Journal of the Acoustical Society of America, 34,1108-1115. 

Elliot, L.L. (1962b). Backward and forward masking of probe tones of 

different frequencies. Journal of the Acoustical Society of America, 34,1116-

1117. 

Elliot, L.L. (1969). Masking of tones before, during, and after brief silent 

periods. Journal of the Acoustical Society of America, 45, i 277-79. 

Elliot, L.L. (1971). Forward and backward masking. Audiology, 10, 65-

76. 

Engstrom, B., Hillerdal, M., & Laurell, G. (1987). Selected pathological 

findings in the human cochlea. Acta Oto-Laryngologica Supplement, 436,110-

116. 

Erlandsson, B., Hakanson, H., Ivarsson, A., & Nilsson, P. (1982). Hearing 

impairment caused by noise or age. Acta Oto-Laryngologica Supplement, 386, 

40-42 

Fabry, D., A., & Van Tasell, D.J. (1986). Masked and filtered simulation of 

hearing loss: Effects on consonant recognition. Journal Speech and Hearing 

Research, 29, 170-178. 

Fasti, H. (1976). Temporal masking effects: I. Broad band noise masker. 

Acoustica, 35, 287-302 

Fast!, H. (1977). Temporal masking effects: II. Critical band masker. 

Acoustica, 33, 317-331. 

Fasti, H. (1979). Temporal masking effects: III. Pure tone masker. 

Acoustica, 43, 282-294. 

* * I "-



157 

Ferraro, J.A., & Minckler, J. (1977a). The human lateral lemniscus and its 

nuclei. Bram and Language, 4, 277-294. 

Ferraro, J.A., & Minckler, J. (1977b). The brachium of the inferior 

colliculus. Brain and Language, 4, 156-164. 

Festen J.M. (1987). Speech-reception threshold in a fluctuating 

background sound and its possible relation to temporal auditory resolution. In 

M.E.H. Schouten (Ed.), The psychophysics of speech perception (pp. 461-466). 

Dordrecht: Martin Nijhoff Publisher. 

Festen J.M. (1993). Contribution of comodulation masking release and 

temporal resolution to the speech-reception threshold masked by an interfering 

voice. Journal of the Acoustical Society of America, 94, 1295-1300. 

Festen J.M., & Plomp, R. (1981). Relations between auditory function in 

normal hearing. Journal of the Acoustical Society of America, 70, 356-369. 

Festen J.M., & Plomp, R, (1983). Relations between auditory function in 

impaired hearing. Journal of the Acoustical Society of America. 73, 652-662. 

Festen J.M., & Plomp, R. (1990). Effects of fluctuating noise and 

interfering speech on the speech reception threshold for impaired and normal 

hearing. Journal of the Acoustical Society of America, 88, 1725-1736. 

Fifer, R.C., Jerger, J. F., Berlin, C.I., Tobey, E.A., & Campbell, J.C. (1983). 

Development of a dichotic sentence identification test for hearing-impaired 

adults. Ear and Hearing,, 4, 300-305. 

Findlay, R.C. (1976). Auditory dysfunction accompanying noise-induced 

hearing loss. Journal of Speech and Hearing Research, 14, 374-380. 

Findlay, R.C, & Dsnenburg. L.J. (1977). Effects of subtle mid-frequency 

auditory dysfunction upon speech discrimination in noise. Audiology, 16, 252-

259. 



158 

Finitzo-Hieber, T., & Tillman, T. (1978). Room acoustics effects on 

monosyllabic word discrimination ability fore normal and hearing impaired 

children. Journal of Speech and Hearing Research, 21, 440-458. 

Fitzgibbons, P.J. (1983) Temporal gap detection as a function of 

frequency, bandwidth, and level. Journal of the Acoustical Society of America, 

74, 67-72. 

Fitzgibbons, P.J., & Gordon-Salant, S. (1994). Age effects on measures 

of auditory duration discrimination. Journal of Speech and Hearing Research, 

37, 662-670 

Fitzgibbons, P.J , & Wightman, F L. (1982) Gap detection in normal and 

hearing-impaired Iisteners Journal of the Acoustical Society of America, 72, 

761-765. 

Fletcher, H. (1940). Auditory patterns Reviews of Modern Physics, 12, 

47-65. 

Florentine, M., & Buus, S. (1984). Temporal gap detection in 

sensorineural and simulated hearing impairments. Journal of Speech and 

Hearing Research, 27, 449-455. 

Florentine, M., Buus, S , Scharf, B., & Zwicker, E (1980) Frequency 

selectivity in normal and hearing-impaired observers. Journal of Speech and 

Hearing Research, 23, 449-4ry5. 

Folsten, M.F, Folsten, S.E , & McHugh, P R (1975). Mini-Mental State' A 

practical method foi grading the cognitive state of patients for the clinician 

Journal of Psychiatric Research, 12,189-198. 

Foster, J.R., & Haggard, M.P. (1987). The four alternative auditory feature 

test (FAAF): Linguistic and psychometric properties of the material with 

normative data and noise. British Journal of Audiology, 21, 165-174. 



159 

French, N.R., & Steinberg, J.C. (1947). Factors governing the 

intelligibility of speech sounds. Journal of the Acoustical Society of America, 

79,90-119. 

Gang, R.P. (1976). The effects of age on the diagnostic utility of the 

rollover phenomenon. Journal of Speech and Hearing Disorders, 41, 63-69. 

Gatehouse, S. (1991). The contribution of central auditory factors to 

auditory disability. Acta Oto-laryngologica Supplement. 476, 182-188 

Gates, G.A., Cooper, J.C, Kannel, W.B., & Miller, N.J (1990). Hearing in 

the elderly: The Framingham cohort, 1983-1985. Ear and Hearing, 11 247-

256. 

Gelfand S A., & Hochberg, I (1976). Binaural and monaural speech 

discrimination under reverberation. Audiology, 15. 72-84 

Gelfand, S.A., Piper, N., & Silman, S. (1985). Consonant recognition in 

quiet as a function of aging among normal hearing subjects. Journal of the 

Acoustical Society of America, 78,1198-1206. 

Gelfand, S A., Piper, N , & Silman, S. (1986) Consonant recognition in 

quiet and in noise with aging among normal Iisteners. Journal of the Acoustical 

Society of America, 80, 1589-1598. 

Gelfand, S.A., & Silman, S. (1985). Future perspectives in heanng and 

aging: Clinical and research needs. Seminars in Hearing, 6, 207-218. 

Gelfand, S.A., Silverman, S. (1979) Effects of small room reverberation 

upon recognition of some consonant features Journal of the Acoustical Society 

of America, 66, 22-29. 

Gengel, R.W., & Watson, CS. (1971). Temporal integration, I. Clinical 

implications of a laboratory study. II. Additional data from hearing-impaired 

subjects. Journal of Speech and Hearing Disorders. 36, 213-224 



160 

Giesser, S., & Greenhouse, S.W. (1958). An extension of Box's results 

on the use of the F distribution in multivariant analysis. Annals of Mathematical 

Statistics, 29, 885-891. 

Gimsing, S. (1990). Word recognition in presbycusis. Scandinavian 

Audiology, 70,207-211. 

Glasberg, B.R., & Moore, B.C.J. (1986). Auditory filter shapes in subjects 

with unilateral and bilateral cochlear impairments. Journal of the Acoustical 

Society of America, 79, 1020-1033. 

Glasberg, B.R., & Moore, B.C.J. (1992). Effects of envelope fluctuations 

on gap detection. Hearing Research, 64, 81-92. 

Glasberg, B.R., Moore, B.C.J., & Bacon, S.P. (1987). Gap detection and 

masking in hearing-impaired and normal-hearing subjects. Journal of the 

Acoustical Society of America, 81, 1546-1556 

Glasberg, B.R., Moore, B.C.J., Patterson, R.D., & Nimmo-Smith, I. (1984). 

Dynamic range and asymmetry of the auditory filter. Journal of the Acoustical 

Society of America, 76,419-427. 

Gordon-Salant, S. (1987). Age-related differences in speech recognition 

as a function of test format and paradigm. Ear and Hearing, 8, 277-282. 

Gordon-Salant, S., & Fitzgibbons, P.J. (1993). Temporal factors and 

speech recognition performance in young and elderly listeners. Journal of 

Speech and Hearing Research, 36, 1276-1285. 

Grady, C.L, Grimes, A.M., Pikus, A., Schwartz, M., Rapoport, I., & Cutler, 

N.R. (1984). Alterations in auditory processing of speech stimuli during aging in 

healthy subjects. Cortex, 20,101 -110. 

Green, D.M. (1973). Temporal acuity as a function of frequ Journal 

of the Acoustical Society of America, 54, 373-379. 



I 
161 

Green, D.M. (1985). Temporal factors in psychophysics. In A Michelsen 

(Ed.), Time resolution in auditory systems (pp. 122-140). Berlin-Spnnger-

Verlag. 

Grose, J.H., Poth, E.A., & Peters, R.W. (1994). Masking level differences 

for tones in elderly Iisteners with relatively normal audiograms. Journal of 

Speech and Hearing Research, 37, 422-428. 

Hall, J.W., Haggard, M.P., & Femandes, M.A. (1984). Detection in noise 

by spectro-temporal pattern analysis. Journal of the Acoustical Society of 

America, 76, 50-56. 

Hansen, C.C., & Reske-Neilson, E., ("i965) Pathological studies in 

presbycusis. Archives of Oto-laryngology, 82, 115-132. 

Hargus, S.E., & Gordon-Salant, S. (1995). Accuracy of speech 

intelligibility index predictions for noise-masked young Iisteners with normal 

hearing and for elderly listeners with hearing impairment. Journal of Speech 

and Hearing Research, 38, 234-243. 

Harris, R.W., & Reitz, M.L. (1985) Effect of room reverberation and noise 

on speech discrimination by the elderly. Audiology, 24, 319-324. 

Harrison, R.V., & Evans. E.F. (1979). Some aspects of temporal coding 

by single cochlear fibers from regions of cochlear hair cell degeneration in the 

guinea pig. Archives of Otorhinolaryngology, 224, 71-78 

Harrison, R V., Nagasawa, A , Smith, D W., Stanton, S , & Mount, R J 

(1991). Reorganization of auditory cortex after neonatal high frequency 

cochlear hearing loss. Hearing Research, 54, 11-19. 

Hawkins, J.E., & Stevens, S.S. (1950). The masking of pure tones and of 

speech by white noise. Journal of the Acoustical Society of America, 22, 6-13 

Heifer, K.S. (1992). Aging and the binaural advantage in reverberation 

and noise. Journal of Speech and Hearing Research. 35, 1394-1401. 

I 



162 

Heifer, K.S., & Wilber, L A. (1990). hearing loss, aging, and speech 

perception in reverberation and noise. Journal of Speech and Hearing 

Research, 33, 149-155. 

Holmes, D.W., Kricos, P.B., & Kessler, R.A. (1988). A closed- versus 

open-set measure of speech discrimination in normal young hearing and 

elderly adults. British Journal of Audiology, 22, 29-33. 

Houtgast, T. (1977). Auditory filter characteristics derived from direct-

masking data and pulsation-threshold data with a rippled noise masker 

Journal of the Acoustical Society of America. 62, 409-415. 

Howard-Jones, P A. & Rosen, S. (1993). The perception of speech in 

fluctuating noise. Acoustica, 78, 258-272 

Humes, L.E. (1982). Spectral ana temporal resolution by the hearing 

impaired. In G.A. Studebaker & F.H. Bess (Eds.), The Vanderbilt hearing aiu 

report, (pp. 16-31). Upper Dirby, PA: Monographs n Contemporary Audiology. 

Humes, L.E. (1990). Masking of tone bursts by modulated noise in 

normals, noise-masked normal, and hearing impaired listeners. Journal of 

Speech and Hearing Research, 33. 3-8. 

Humes, L.E., Bess, F.H ,& Schwartz, D.M (1978). Thresholds of aural 

overload, word discrimination in noise, and the fragile ear. Journal of the 

American Auditory Society, 3, 253-257. 

Humes, L.E., & Christoperson, L (1991) Speech identification difficulties 

of hearing-impaired elderly persons: The contributions ot auditory processing 

deficits. Journal of Speech and Hearing Ret> .'arch, 34, 686-693 

Humes, L.E., Espinoza Varas B., Watson, C. (1988) Modeling 

sensorineural hearing loss. I. Model and retrospective evaluation. Jownal of 

the Acoustical Society of America, 88.188-202. 

'I I 



163 

Humes, L.E., Nelson, K.J., & Pisoni. D.B. (1991). Recognition of synthetic 

speech by hearing-impaired elderly listeners. Journal of Speech and Hearing 

Research, 34, 1180-1184. 

Humes, L.E., & Roberts, L. (1990). Speech-recognition difficulties of the 

hearing-impaired elderly. The contributions of audibility. Journal of Speech and 

Hearing Research, 33, 726-735. 

Humes, L.E., Watson. B U., Chnstensen, L.A , Cokely, C.G., Hailing, D.C , 

& Lee, L. (1994). Factors associated with individual differences in clinical 

measures of speech recognition among the elderly Journal of Speech and 

Hearing Research, 37, 465-474 

Huynh, H., & Feldt, L.S. (1976). Estimation of the Box correction for 

degrees of freedom from sample data in the randomized block and split-blocN 

designs. Journal of Educational Statisticb. 7,69-82 

Irwin, R.J., Hinchcliffe, L.K., & Kemp. S (1981). Temporal acuity in 

normal and hearing-impaired listeners. Audiology. 20. 234-243 

Irwin, R.J.,& McAuley, S F (1987) Relations among temporal acuity 

hearing loss, and the perception of speech distorted by noise and 

(everberatior. Journal of the Acoustical Society of America. 81. 1557-1565 

Jerger. J (1992). Can age-related decline in speech understanomg be 

explained by peripheral heirmg loss9 Journal of the American Academy of 

Audioloay 3, 33-38. 

Jeiger, J.,Chmiel, R., Stach B , & Spretnjak M. (1993) Gender affects 

audiometric shape in presbycusis Journal of the American Academv of 

Audiology, 4, 42-49. 

Jerger, J., & Jerger, S. (1971) Diagnosis significance of PB word 

functions. Archives of Otolaryngology. 93. 573 5b0. 

T l ' ' 



164 

Jerger, J., Jerger, S , Oliver, T., & Pirozzolo, F (1989) Speech 

understanding in the elderly. Ear and Hearing, 10,79-89. 

Jerger, J., Jerger, S., & Pirozzolo, F. (1991). Correlational analysis of 

speech audiometric scores, hearing loss, age and cognitive abilities in the 

elderly. Ear and Hearing, 12, 103-109. 

Jerger, J., Johnson, K., Jerger, S. (1988) Effect of response criterion on 

measures of speech understanding in the elderly. Ear and Hearing, 9, 49-56. 

Jerger, J., Mahurin, R., & Pirozzolo, F. (1990). The separability of central 

auditory and cognitive deficits: Implications for the elderly Journal of the 

American Academy of Audiology, 1,116-119. 

Jerger, J., Malmquist, C, & Speaks, C. (1966) Comparisons of some 

speech intelligibility tests in the evaluation of hearing aid performance. Jownal 

of Speech and Hearing Reseaich, 9,136-149. 

Jerger, J , Stach, B , Pruitt, J , Harper, R., & Kirby, H. (1989). Comments 

on "Speech understanding and aging". Journal of the Acoustical Society of 

America, 85, 1352-1354. 

Jerger, J.F., Tillman, T.W , Peterson, J.L (1960). Masking by octave 

bands of noise in normal and impaired ears. Journal of the Acoustical Society 

of America, 32, 385-390 

Jestead, W , Bacon, S P , & Lehman, J R (1982) Forward masking as a 

function of frequency, masker level, and signal delay. Journal of the Acoustical 

Society of America, 77,950-962 

Johnson, L.G., & Hawkins, J.E (1972a). Sensory and neural 

degeneration with aging, as seen in microdissections of the human inner ear. 

Annals of Otology Rhmology and Laryngology, 81, 179-193 



165 

Johnson, L.G., & Hawkins, J.E. (1972b). Vascular changes in the human 

inner ear associated with aging. Annals of Otology Rhinology and Laryngology, 

81, 364-376. 

Jokinen, K. (1973). Presbycusis Acta Oto-laryngologica. 76. 426-430 

Kalikow, D.N., Stevens, K.N , & Elliot, L L (1977) Development of a test 

of speech intelligibility in noise using sentence materials with controlled word 

predictability. Journal of the Acoustical Society of America. 1337-1351 

Kaplan, E., Goodglass, H.. & Wemtraub, S (1983) The Boston Naming 

Test. Philadelphia, PA' Lea & Febiger. 

Kasden. S.D. (1970). Speech discrimination in two age groups matched 

for hearing loss. Journal of Auditory Research. 70.210-212 

Keith, R.W., & Talis, H.P. (1972) The effects of white noise on PB scores 

of normal and hearing-impaired listeners Audiology. 7 7. 177-186 

Keller, E. (1994;. Signalyze (Version 3 0) [Computer software] 

Lausanne, Switzerland' IntoSignal inc 

Keppel, G. (1991). Design and analysis A researcher's handbook (3rd 

ed.). Engiewood Cliffs, NJ' Prentice Hall 

Keren, G., & Lewis, C, (1979). Partial omega squared for ANOVA 

esigns. Educational and Psychological Measurement 39. 119-128 

Kidd, G. Jr., Mason, C R., & Feth, L.L (1984). Temporal integration of 

forward masking in listeners having sensorineural hearing loss Journal of the 

Acoustical Society of America, 75, 937-944. 

Kirikae, I., Sato. T., & Shatara. T. (1964). A study of hearing in advanced 

age. Laryngoscope, 74, 205-220. 

Klein, A.J., Mills, J.H , & Adkms, W.Y. (1990) Jpward spread of masking, 

hearing loos, and speech recognition in young and eicpriy Iisteners Journal of 

the Acoustical Society of America, 87, 1266-1271. 

H p 



166 

Konigsmark, B.W., & Murphy, E.A. (1972), Volume of the ventral cochlear 

nucleus in man: Its relationship to neural population and age. Journal of 

Neuropathology and Experimental Neurology. 31, 304-316. 

Konkle, D.F., & Berry, G.A. (1983) Masking in speech audiometry. In 

D.F. Konkle & W.F. Rintelmann (Eds.), Principals of speech audiometry (pp. 

285-319). Baltimore, MD: University Park Press. 

Krmpotic-Nemanic, J. (1971). A new concept of the pathogenesis of 

presbycusis. Archives of Otolaryngology, 93,161-166. 

Kryter, K.D. (1983). Presbycusis, sosiocusis, and nosocusis. Journal of 

the Acoustical Society of America, 73, 1897-1917 

Lehiste, I., & Peterson, G.E. (1959). Linguistic considerations in the . 'udy 

of speech intelligibility. Journal of the Acoustical Society of America, 31, 280-

286. 

Leske, M.C (1981). Prevalence estimates of communicative disorders 

in the U.S.: Language, hearing and vestibular disorders. Asha, 23, 229-237. 

Lidei, G. (1954). Speech audiometry. Acta Oto-laryngclogica 

Supplement. 114, 1-145. 

Lowell, S.H., & Paparella, M.M. (1977). Presbycusis: What is it? 

Laryngoscope, 87, 1710-1717. 

Lutman, M.E. (199i). Degradations in frequency and temporal resolution 

with age and their impact on speech identification. Ada Oto-laryngologica 

Supplement, 476, 120-126. 

Lutman, M.E., Gatehouse, S,, & Worthington. A.G. (1991). Frequency 

resolution as a function of hearing threshold level and age Journal of the 

Acoustical Society of America, 89, 320-328 

Marsh?:!, L. (1981). Auditor/ processing in aging listeners. Journal of 

Speech and Hearing Disorders, 46, 22« 240. 

* I I 



167 

Martin, D.R., & Cranford, J.L. (1991). Age-related changes in binaural 

processing: II. Behavioral findings. American Journal of Otology, 72,365-369. 

Martin, M.C (1974). Critical bands in sensorineural loss. Scandit.wian 

Audiology, 3, 133-140. 

McCronsky, R.L., & Kasten, R.N. (1982). Temporal factors and the aging 

auditory system. Ear and Hearing, 3, 124-127. 

Middelweerd, M.J., Festen, J.M., & Plomp, R. (1990). Difficulties with 

speech intelligibility in noise in spite of a normal pure-tone audiogram 

Audiology. 29,1 -7. 

Miller, G.A. (1947). The masking of speech. Psychological Bulletin. 44, 

105-129. 

Miller, G.A., & Licklider, C.R. (1950). The intelligibility of interrupted 

speech. Journal of the Acoustical Society of America, 22. 167-173. 

Moncur, J P., & Dirks, D. (1967). Binaural and monaural speech 

inteliigibiliiy in reverberation, Journal of Speech and Hearing Research, 10. 

186-195. 

Moora, B.C.J, (1978). Psychophysical tuning curves measured with 

simultaneous and forward masking. Journal of the Acoustical Society of 

America. 63, 525-532. 

Moore, B.CJ (1985). Frequency selectivity and temporal resolution n 

normal and hearing-impaired listeners British Journal of Audiology. 19, 189-

201. 

Moore, B.C J. (1989). An introduction to the psychology of hearing (3rd 

ed.). London: Academic Press 

Moore, B C.J (1986). Parallels between frequency selectivity measured 

psychophyscially and in cochlear mechanics. Scandinavian Audiology 

Supplement, 25, 1339-152. 

R 



I 

168 

Moore, B.C.J. (1993). Temporal analysis in normal and hearing impaired 

hearing. In P. Tallal, A.M. Galaburda, R.R. Llinas, & C. von Euler (Eds.), 

Temporal information processing in the nervous system: Special reference to 

dyslexia and dysphasia: Vol. 682. Annals of the New York Academy of 

Sciences (pp. 119-136). New York: New York Academy of Sciences. 

Moore, B.C.J., & Glasberg, B.R. (1983). Suggested formulae for 

calculating auditory-filter bandwidths and excitation patterns. Journal of the 

Acoustical Society of America, 74, 750-753. 

Moore, B.C.J., & Glasberg, B.R. (1988). Gap detection with sinusoids and 

noise in normal, impaired, and electrically stimulated ears. Journal of the 

Acoustical Society of America, 83, 1093-1101. 

Moore, B.C.J., Glasberg, B.R., Donaldson, E., McPherson, T., & Plack, 

C.J. (1989). Detection of temporal gaps in sinusoids by normally hearing and 

hearing-impaired subjects. Journal of the Acoustical Society of America, 85, 

1266-1275. 

Moore, B.C.J., Glasberg, B.R., Plack, C.J., & Biswas, A.K. (1988). The 

shape of the ear's temporal window. Journal of the Acoustical Society of 

America, 83, 1102-1116. 

Moore, B.C J., Peters, R.W., & Glasberg, B.R. (1990). Auditory filter 

shapes at low center frequencies Journal of the Acoustical Society of America, 

88, 132-140. 

Moore, B.C.J., Peters, R.W., & Glasberg, B.R. (1992) Detection of 

temporal gaps in sinusoids by elderly subjects with and without hearing loss. 

Journal of the Acoustical Society of America, 92, 1923-1932. 

Moscicki, E.K., Elkins, E.F., Baum, H.M., & McNamara, P.M. (1985). 

Hearing loss in the elderly: An epidemiologic study of the Framingham heart 

study cohort. Ear and Hearing, 6,184-190. 

y i 



169 

Nabelek, A.K., & Mason, D. (1981). Effects of noise and reverberation on 

binaural and monaural word identification by subjects with various audiograms. 

Journal of Speech and Hearing Research, 24, 375-383. 

Nabelek, A.K., & Pickett, J.M. (1974). Reception of consonants in a 

classroom as affected by monaural and binaural listening, noise, reverberation 

and hearing aids. Journal of the Acoustical Society of America, 56, 628-639. 

Nabelek, A.K., & Robinson, P.K. (1982). Monaural and binaural speech 

perception in reverberation for listeners of various ages Journal of the 

Acoustical Society of America, 71, 1242-1248 

Nadoi, J.B. Jr. (1979). Electron microscopic findings in presbycusic 

degeneration of the basal turn of the human cochlea Otolai yngology Head and 

Neck Surgery, 87, 818-836. 

National Center for Healtn Sciences (1987). Current estimates from the 

National Health Interview Survey: United States, 1987 (Vital and Health 

Statistics Series 10). Washington, DC: U.S. Printing Office. 

Nelson, D.A. (1991). High-level psychophysical tuning curves: Forward 

masking in normal-haaring and hearing-impaired Iisteners Journal of Speech 

and Hearing Research, 34, 1233-1249 

Nelson, D.A., & Freyman, R.L. (1987) Temporal resolution in 

sensorineural hearing-impaired listeners. Journal of the Acoustical Society of 

America, 81, 709-720. 

Newman, C.W., & Spitzer, J.B. (1983) Prolonged auditory processing 

time in the elderly: Evidence from a backward recognition-masking paradigm. 

Audiology, 22,241-252. 

Olsen, W.O.&Matkin, N.D. (1991). Speech a .diometrv. in W.F. 

Rintelmann (Ed.). Hearing assessment (2nd ed., pp. 99-140). Austin, TX: Pro-

Ed. 

i • i r 



170 

Olsen, W.O., Noffsinger, D , & Kurdziel, S. (1975) Speech discrimination 

in quiet and noise by patients with peripheral and central lesions Acta Oto-

laryngologica, 80, 375-332. 

Osman, E., & Raab, D.H, (1963). Temporal masking of clicks by noise. 

Journal of the Acoustical Society 0f A merica, 35,1939-1941. 

Otto, W.C, & McCandless, G A. (1982). Aging and the auditory system. 

Ear and Hearing, 3, 110-117. 

Paparella, M.M. (1978). Differential diagnosis of hearing loss. 

Laryngoscope, 88, 952-959. 

Patterson, J.H. (1971). Additivtty of forward and backward masking as a 

'unction of signal level Journal of the Acoustical Society of America, 50,1123-

1125 

Patterson, J H., & Green, D.M (1970). Discrimination of transient signals 

having identical energy spectra. Journal of the Acoustical Society of America, 

48, 894-905. 

Patterson, R.D. (1976) Auditory f.'ter shapes derived with noise stimuli 

Journal of the Acoustical Society of America 59, 640-654. 

Patterson, R.D., Nimmo-Smith, I., Weber, D.L, & Milroy, R. (1982). The 

deterioration of hearing with age: Frequency selectivity, the critical ratio, the 

audiogram, and speech threshold. Journal of the Acoustical Society of 

America, 72, 1788-1803. 

Pearson, J.D , Morrell, C.h , Gordon-Salant, S., Brant, L J., Metter, E.J., 

Klein, L L,, & Fozard, J.L. (11/95). Gender differences in a longitudinal study of 

jga-dssociafea heanng loss Jcurnal of the Acoustical Society of America, 9/, 

.196 120q 

1 " " l I a 



I 

171 

Penner, M.J. (1974). Effect of masker duration and masker level on 

forward and backward masking. Journal of the Acoustical Society of America, 

56, 179-182. 

Penner, M.J., & Shiffrin, R.M. (1980). Nonlinearities in the coding of 

intensity within the context of a temporal summation model. Journal of the 

Acoustical Society of America, 67, 617-627. 

Peters, R.W., & Hall, J.W. Ill (1994). Comodulation masking release for 

elderly listeners with relatively normal audiograms. Journal of the Acoustical 

Society of America, 96, 2674-2682. 

Peters, R.W., & Moore, B.C.J. (1992a). Auditory filter shapes at low 

center frequencies in young and elderly hearing-impaired subjects. Journal of 

the Acoustical Society of America, 91, 256-266. 

Peters, R.W., & Moore, B.C.J. (1992b). Auditory filters and aging: Filters 

when auditory thresholds are normal. In Y, Cazals, L. Demany, & K. Horner 

(Eds.), Ninth international symposium on hearing: Auditory physiology and 

perception (pp. 179-187). Oxford: Pergamon. 

Phillips, D.P. (1987). Stimulus intensity and loudness recruitment: 

Neural correlates. Journal of the Acoustical Society of America, 82,\-\2. 

Phillips, D.P. (1995). Central auditory processing: A view from auditory 

neuroscience. The American •ournal of Otology, 76,338-352. 

Phillips, D.P., Hall, S.E. (1986). Spike-rate intensity functions of cat 

cortical neurons studied with combined tone-noise stimuli. Journal of the 

Acoustical Society of America, 80. 170-187. 

Phillips, D.P., Rappaport, J.M., & Gulliver, J.M. (1994). Impaired word 

recognition in noise by patients with noised-induced cochlear hearing loss: 

Contribution of a temporal resolution defect. The American Journal of Otology, 

15, 679-686. 

I 



172 

Phillips, S.L., Gordon-Salant, S., Fitzgibbons, P.J., & Yeni-Komshain, 

G.H. (1994). Auditory duration discrimination in young and elderly listeners with 

normal hearing. Journal of the American Academy of Audiology, 5, 210-215. 

Pick, G.F., & Evans, E.F. (1983). Dissociation between frequency 

resolution and hearing threshold. In R. Klinke & R. Hartman (Eds.), Hearing -

Physiological bases and psychophysics (pp. 393-399). Berlin: Springer-

Verlag. 

Pick, G.F., Evans, E.F., & Wilson, J.P. (1977). Frequency resolution in 

patients with hearing loss of cochlear origin. In E.F. Evans & J.P. Wilson (Eds.), 

Psychophysics and physiology of hearing (pp. 273-281). London: Academic 

Press. 

Pickett, J.M. (1959). Backward masking. Journal of the Acoustical 

Society of America, 37,1613-1615. 

Pickles, J.0. (1988). An introduction to the physiology of hearing (2nd 

ed.). London: Academic Press. 

Plack, C.J., & Moore B.C.J. (1990). Temporal window shape as a 

function of frequency and level. Journal of the Acoustical Society of America, 

87, 2178-2187. 

Plath, P. (1991). Speech recognition in the elderly. Acta Oto-

laryngologicaSupplement, 476, 127-130. 

Plomp, R. (1964). Rate of decay of auditory sensation. Journal of the 

Acoustical Society of America, 36, 277-282 

Plomp, R. (1973). Auditory handicap of her.ring impairment and limited 

benefit of hearing aids. Journal of the Acoustical Society of America, 63, 533-

549, 

r I " ' I 



I 

173 

Plomp, R. (1986). A signal-to-noise ratio model for the speech-reception 

threshold of the hearing impaired. Journal of Speech and Hearing Research, 

29, 146-154. 

Plomp, R., & Duquesnoy, A.J. (1982). A model for speech-reception 

thresholds in quiet and noise with and without a hearing aid. Scandinavian 

Audiology Supplement, 15, 95-111, 

Plomp, R., & Mimpen, A.M. (1979). Speech-reception thresholds for 

sentences as a function of age and noise level. Journal of the Acoustical 

Society of America, 66, 1333-1342. 

Pollack, I. (1948). Effects of high pass and low pass filtering on the 

intelligibility of speech in noise. Journal of the Acoustical Society of America, 

20, 259-266. 

Pollack, I. (1954). Masking of speech by repeated bursts of noise 

Journal of the Acoustical Society of America. 26. 1053-1055. 

Pollack I. (11,55). Masking by periodically interrupted noise. Journal of 

the Acoustical Society ofAmer'ca, 27, 353-355. 

Pollack, I. (1964). Interaction o< forward and backward masking Journal 

of Auditory Research, 4, 63-67. 

Preminger, J., & Wiley, T.L. (1985). Frequency selectivity and consonant 

intelligibility in sensorineural hearing loss. Journal of Speech and Hearing 

Research, 28, 197-206. 

Price, P.J., & Simon, H.J. (1984). Perception of temporal differences in 

speech by "normal-hearing" adults: Effects of age and intensity. Journal of the 

Acoustical Society of America, 76, 405-410. 

Prosser, S., Turrini, M., & Arslan, E. (1991). Effects of different noises on 

speech discrimination by the elderly. Acta Oto-laryngologica Supplement, 476, 

136-142. 

\ 



174 

Punch, J.L, (1978). Masking of spondees by interrupted noise in 

hearing-impaired listeners. Journal of the American Audiology Society, 3, 245-

252. 

Rajan, R., Irvine, D.R.F., Wise, L.Z., & Heil, P. (1993). Effect of unilateral 

partial cochlear lesions in adult cats on the representation of lesioned and 

unlesioned cochleas in primary auditory cortex. Journal of Comparative 

Neurology, 338, 17-49. 

Rappaport, J.M., Gulliver, J.M., Phillips, D.P., Van Dorpe, R.A., Maxner, 

C.E., & Bhan, V. (19S4). Auditory temporal resolution in multiple sclerosis. 

Journal of Otolaryngology, 23, 307-324. 

Raz, N., Millman, D., & Moberg, P.J. (1990). Mechanism of age-related 

differences in frequency discrimination with backward masking: Speed of 

processing or stimulus persistence. Psychology and Aging, 55, 475-481. 

Rintelmann, W.F., Schumaier, D.R., Jetty, A.J., Burchfield, S.A., Beasley, 

D.S., Mosher, N.A., Mosher, R.A., & Penley, E.D. (1975). Six experiments on 

speech discrimination utilizing CNC monosyllables. Journal of Auditory 

Research Supplement, 2, 1-30. 

Rittmanic, P.A. (1962), Masking by tones and bands of noise in normal 

and impaired ears. Journal of Auditory Research, 2, 287-304. 

Robertson, D., & Irvine, D.R.F. (1989). Plasticity of frequency 

organization in auditory cortex of guinea pigs with partial unilateral deafness. 

Journal of Comparative Neurology, 282, 456-471. 

Robinson, C.E., & Pollack, I. (1973). Interaction between forward and 

backward masking: a measure of the integrating period of the auditory system. 

Journal of ihe Acoustical Society of America, 53. 1313-1316. 

Robinson, D.W., & Sutton, G.J. (1979). Age effect in hearing - A 

comparative analysis of published threshold data. Audiology, 18, 320-334. 



175 

Rodenburg, M. (1977) Investigation of temporal effects with amplitude 

modulated signal In E.F. Evans & J P Wilson (Eds.), Psychophysics and 

physiology of hearing (pp. 429-437) London Academic Press 

Rodriguez, G P , DiSarno, N J , & Hardiman, C J (1990) Central 

auditory processing in normal-hearing elderly adults Audiology, 29, 85-92 

Ronken, DA (1970) Monaural detection of phase differences in clicks 

Journal of the Acoustical Society of America, 47,1091 -1099 

Rupp, R.R , & Phillips, D. (1969). The effect of noise background on 

speech discrimination function in normal-hearing individuals Journal of 

Auditory Research, 9. 60-63 

Rupp, R.R., Phillips, D , Bnggs, P , Rossman, R., Goldsmith, M , Rosi.er, 

P., & Doyle, K.J. (1977). Speech discrimination norms for CID W-22 word lists 

in different noise environments. Journal Of the Michigan Speech and Hearing 

Association, 13, 59-67. 

Salthouse, T.A (1980) Age and memory Strategies for localizing the 

loss In L.W. Poon, J L Fozard, L.S. Cermak, D. Arenberg, & L W Thompson 

(Eds.), New directions in memory and aging Hillsdale. N J Erlbaum. 

Sapp, J V., & McCarthy, P (1993) Omission rates of young and elderly 

Iisteners in word recognition testing Journal of the American Academy of 

Audiology, 4, 1-4. 

Sanderson Leepa. M E & Rintelmann, W F (1976) Articulation 

functions and test-retesi performance of normal-heanng children on three 

speech discrimination tests: WIPI, PBK-50, and NU auoitory Test No 6 Journal 

of Speech and Hearing Disorders, 41, 503-519 

Scharf, B., & Hellman, R.F (1966). Model of loudness summation 

applied to impaired ears Journal of the Acoustical Society of America, 40, 71 -

78. 

r I 



I I 

176 

Scheibel, M E , Lindsay. R D , Tomiyasu, U . & Scheibel, A B (1975) 

Progressive dendritic changes in aging human cortex Experimental 

Neurology. 47, 392-403. 

Schuknecht, H F (1964). Further observations on the pathology of 

presbycusis. Archives of Otolaryngology 80 369-38? 

Schum, D.J., Mathews, L.J, & Lee. F (1991). Actual and predicted word 

recognition performance of elderly hearing-impaired listeners Journal of 

Speech and Hearing Research, 34, 636-642. 

Schwartz, D.M., Bess. F.H , & Larson, V D (1977) Split half reliability of 

two word discrimination tests as a function of primary-to-secondary ratio 

Journal of Speech and Hearing Disordeis, 42, 440-445 

Shailer, M.J , & Moore, B C J (1983) Gap detection as a function of 

frequency, bandwidth and level Journal of the Acoustica! Society of America, 

74, 467-473. 

Shailer, M J , & Moore, B C J (1987) Gap detection and the auditory 

filter Phase effects using sinusoidal stimuli Journal of the Acoustical Society of 

America, 81, 1110-1 H7 

Shapiro, M.T., Melmck, W.. & VerMeulen, V (197?) Effects of modulated 

noise on speech intelligibility on people with sensorineural hearing loss 

Annals of Otology, 81 241-248 

ohinnian, M., & Arnst, D (1982) Patterns of performance intensity 

functions for phonetically balanced word lists and synthetic sentences in aged 

listeners. Archives of Otolaryngology, 80, 369-382. 

Shore, I., B'lger, R.C, & Hirsh, I J (1960) Hearing aid evaluation-

Reliability of repeated measures. Journal of Speech and Hearing Research 

25, 152-170. 

f 



I 

177 

Smiarowski, R.A., & Carhart, R. (1975). Relations among temporal 

resolution, forward masking, and simultaneous masking. Journal of the 

Acoustical Society of America, 57, 1169-1174. 

Souza, P.E., & Turner, C.W. (1994). Masking of speech in young and 

elderly listeners with hearing loss. Journal of Speech and Hearing Research, 

37,655-661. 

Speaks, C. & Jerger, J. (1965). Method for measurement of speech 

identification. Journal of Speech and Hearing Research, 9, 305-312. 

Spoendlin, H., & Schrott, A. (1989). Analysis of the human auditory 

nerve. Hearing Research, 43, 25-38. 

Spoondlin, H., & Schrott. A. (1990). Quantitative evaluation of the human 

cochlear nerve. Acta Oto-Laryngologica Supplement. 470, 61-70 

Stach, B.A., Spretnjak, M l . , & Jerger, J. (1990). The prevalence of 

central presbyacusis in a clinical population. Journal of the American Academy 

of Audiology, 1, 109-115. 

Stone, M.A., & Moore, B.C.J. (1992). Spectral enhancement for people 

with sensorineural hearing impairment: Effects on speech intelligibility and 

quality. Journal of Rehabilitation Research and Development, 29. 39-56. 

Studebaker, G. (1985). A "rationalized" arcsine transform. Journal of 

Speech and Hearing Research, 28, 455-462. 

Suga, F., & Lindsay, J.R. (1976). Histopathological observations of 

presbycusis. Annals of Otology Rhinology and Laryngology, 85, 169-184, 

Surr, R.K., & Schwartz, D.M. (1980). Effc-Gts of multitalker competing 

speech on variability of the California Consonant Test. Ear and Hearing, 7, 

319-323. 



I 

178 

Takahashi, G.A., & Bacon, S.P. (1992). Modulation detection, modulation 

masking, and speech understanding in the elderly Journal of Speech and 

Hearing Research, 35, 1410-1421 

Takahashi, T (1971). The ultrastructure of the patholog.c stria vascularis 

and spiral prominence in man. Annals of Otology Rhinology and Laryngology. 

SO, 721-735. 

Thibodeau, L.M., & Van Tasell, D J (1987). Tone detection and synthetic 

speech discrimination in band-'eject noise by hearing-impaired Iisteners 

Journal of the Acoustical Society of America. 82, 864-873. 

Tillman, T.W., & Carhart, R. (1966). A test for speech discrimination 

con,posed of CNC monosyllabic words. Northwestern University Auditory Test 

No. 4 (Technical Documentary Report No SAM-TDR-62-135) Brooks Air 

Force Base, TX. USAF School of Aerospace Medicine Technical Report 

Tillman, T.W , Carhart, R , & Nicholls, S (1973). Release from multiple 

maskers in elderly persons Journal of Speech and Hearing Research, 16, 152-

160. 

Tillman, T.W., Carhart, R,& Wilber, L (1963) A-expanded test for 

speech discrimination utilizing CNC monosyllabic words Northwestern 

University Auditory Test No. 6. Brooks Air Force Base TX USAF School of 

Aerospace Medicine Technical Report. 

Tillman, T.W., &Olsen, WO. (1973), Speech audiometry. In J Jerger 

(Ed.), Modern developments in audio'ogy (pp. 37-74) London- Academic 

Press. 

Townsend, T.H., & Bess, F.H (1980) Effects of age and sensorineural 

hearing loss on word recognition. Scandinavian Audiology. 9. 245-248. 

I 



A I 4 

179 

Trainor, L.J., & Trehub, S.E. (1989). Aging and auditory temporal 

sequencing: Ordering the elements of repeating tone patterns. Perception and 

Psychophysics, 45, 417-426. 

Trinder, E. (1979). Auditory fusion: A critical interval test with implications 

for differential diagnosis. British Journal of Audiology, 13,143-147. 

Tukey, J.W. (1953). The problem of multiple comparisons. Unpublished 

manuscript, Princeton University. 

Turner, C.W., Souza, P.E., & Forget. L.N. (1995). Use of temporal 

envelope cues in speech recognition by normal and hearing-impaired listeners. 

Journal of the Acoustical Society of America, 97, 2568-2576. 

Tyler, R.S., Summerficid, Q.; Wood, E.J., & Femandes, M.A. (1982). 

Psychoacoustic and phonetic temporal processing in normal and hearing-

impaired listeners. Journal of the Acoustical Society of America, 72, 740-752. 

van Rooij, J.C.G.M., & Plomp, R. (1989). Auditive and cognitive factors in 

speech perception by elderly listeners. I: Development of a test battery. Journal 

of the Acoustical Society of America, 86, 1294-1309. 

van Rooij, J.C.G.M., & Plomp, R. (1990). Auditive and cognitive factors in 

speech perception by elderly listeners. II: Multivariant analyses. Journal of the 

Acoustical Society of America, 88, 2611-2624. 

van Rooij, J.C.G.M., & Plomp, R. (1992). Auditive and cognitive factors in 

speech perception by elderly listeners. Ill: Additional data and final discussion. 

Journal of the Acoustical Society of America, 91,1028-1033. 

Van Tasell, D.J. (1980). Perception of second-formant transitions by 

hearing impaired persons. Ear and Hearing, 7.130-136. 

Van Tasell, D.J (1993). Hearing loss, speech, and hearing aids. Journal 

of Speech and Hearing Research, 36, 228-244. 

r 



I 

180 

Viemeistei, N.F. (1^79). Temporal modulation transfer functions based 

on modulation thresholds. Journal of the Acoustical Society of America, bo, 

1364-1380. 

Vogten, L.L.M. (1974). Pure tone masking: A new result from a new 

method. In E. Zwicker & E. Terhardt (Eds.), Facts and models in hearing (pp. 

142-155). Berlin: Springer-V^rlag. 

von Wedel, H., von Wede,, U.-Ch., & Streppel, M. M991a) Selective 

hearing in the aged with regard to speech perception in quiet and noise Acta 

Oto-laryngologicaSupplement, 476. 131-135. 

von Wedel, H., von Wedel. U.-Ch , & Streppel, M. (1991b) Monaural and 

binaural time resolution ability in the aged Acta Oto-laryngologica 

Supplement, 476, 161-166. 

Weber D.I., & Moore, B C J. (1981). Forward masking by sinusoidal and 

noise maskers Journal of the Acoustical Society of America, 69, 1402-1409 

Weschler, D. (1981). Weschler Adult Intelligence Scale-Revised New 

York: The Psychological Corporation. 

Weschler, D. (1987). Weschler Memory Scale-Revised New York: The 

Psychological Corporation 

Wepman, J.M., & Turaids, D (1975\ Spatial Orantation Memory Test. 

Chicago: Language Research Association. 

Widen, G.P., & Viemeister. N F, (1979). Intensive and temporal effects in 

pure-tone forward masking. Journal of the Acoustical Society of America. 66, 

388-395. 

Wightman, F., McGee, T., & Krammar, M. (1977). Factors influencing 

frequency selectivity in normal and hearing-impaired listeners. In E.F. Evans & 

J.P. Wilson (Eds.), Psychophysics and physiology of hearing (pp. 295-306). 

London: Academic Press. 

< " 



la 

18"! 

Willott, J.F. (1991). Aging and the auditory system: Anatomy, physiologv, 

and psychophysics. San Diego. CA: Singular Publishing Group. 

Willott, J.F.. Aitkin, L.M., & McFadden, S.L. (1993). Plasticity of auditory 

cortex associated with sensorineural hearing loss in adult C57BL/6J mice. 

Journal of Comparative Neurology, 329, 402-411. 

Wilson, R.H., Caley, K.E., Haenel, J.L., & Browning, K.M. (1975). 

Northwestern University Auditory Test No. 6: Normative and comparative 

intelligibility functions. Journal of the American Auditory Society, 1, 221-228. 

Wilson, R.H., & Carhart, R. (1969). Influence of pulsed masking on the 

threshold for spondees Journal of the Acoustical Society of America, 46, 998-

1010. 

Wilson, R.H., & Carhart, R. (1971). Forward and backward masking: 

interactions and additivity. Journal of the Acoustical Society of America, 49, 

1254-1263. 

Wilson, R.H., & Punch, J.L. (1971). Masked spondee thresholds: 

Variable duty cycle and mask intensity. Journal of Auditory Research, 11, 270-

275. 

Wingfield, A., Poon, L.W., Lombardi, L, & Lowe, D. (1985). Speed of 

processing in normal aging: Effects of speech rate, linguistic structure, and 

processing time. Journal of Gerontology, 40; 579-585. 

Working Group on Speech Understanding and Aging. (1988). Speech 

understanding and aging. Journal of the Acoustical Society of America, 83, 

859-895. 

Yacullo, W.S., & Hawkins, D.B. (1987). Speech recognition in noise and 

reverberation by school age children. Audiology, 26, 235-246. 

I 
i 



182 

Zallone, A.Z.,Teti, A.,Balle V. & luiato, S. (1987) Degeneration 

patterns in the oraan of Corti and spiral lamina. Acta Oto-Laryngologica 

Supplement, 436, 126-132. 

Zera, J., & Green, D.M. (1993) Detecting temporal onset and offset 

asynchrony in multicomponent complexes. Journal of the Acoustical Society of 

America, 93, 1038-1052. 

Zwicker, E. (1954). Die verdeckung von schmalbandgerauscnen durch 

sinustone. Acoustica, 4, 415-420. 

Zwicker, E. (1974). On a psychoacoustical equivalent tuning curve. In E 

Zwicker & E. Terhardt (Eds.), Facts and models in hearing (pp 132-141). 

Berlin: Springer-Verlag. 

Zwicker, E., Flottorp, G & Stevens, S.S. (1957) Critical bandwidth in 

loudness summation. Journal of the Acoustical Society of America, 29, 548-

557. 

Zwicker, E., & Scharf, B. (1972). A model of loudness summation. 

Psychological Review, 72, 3-26 

Zwicker, E., & Schorn, K (1978) Psychoacoustical tuning curves in 

audiology. Audiology, 17, 120-140. 

Zwicker, E., & Schorn, K. (1932). Temporal resolution in hard-of-heanng 

patients. Audiology, 21, 474-492 

f 


